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Title word cross-reference  Accelerometer [MVH16]. Accent
[BHST16]. Access [Anol4-82, Anol4-83,
Anol4-84, Anol4-85, Anol4-86, Anol4-87,
Anol14-88, Anol4-89, Anol5-71, Anol5-72,

1 [GCJT14]. 2.5 [WAS16]. 3 Ano15-73, Anol5-74, Ano14-90, Ano14-91].

[CT14, SMH14, vMM14]. o [VZC14]. 1 Accompanied [CWJ16]. Accompaniment

[CL14a, MPC16, MZM15, BHST16, CPL14, [WC16b]. Accordance [WC16b]. Accuracy

XYH14]. N [MHBT15]. [OHN16]. Accurate [MBM15]. ACE
[EGMN16]. Acoustic [CTSC14, CH16,

-D [CT14, WAS16]. -Gram [MHBT15]. CWJ15, Chilsh, CWJ16, CC15, CPSFC*14,

-integration [VZC14]. -Norm [GCJ+14]. CSAR'14, CGK15, DAMvW15, DG15,

-Vector EGMNI16, FZZ+15, GR14, GCvWMJ14,

[BHS*16, XYH14, CPL14, MPC16, CL14a).  [ac14. HH14, HF15, HGAPB15, HHCIG,

-Vectors [MZM15]. JJB16, KJG16, KD16, LLR*16, yLsL14,
LAK16, LK16, MKA*14, MAB+16, MVH16,

14 [FWM*14a]. MZM15, NW15, PMMM15, RLPK15, SS16,
SD16b, SD16a, SK16a, SGA15, SLGA15,

4 [CRH*14]. SHDG16, SR16b, SLR16, TD16, TQY16,

TK14, WLL+15a, WSY14, YsL15, ZZHI16,
AAC [CRHT14]. Abstractive [ZZZ16].




ZYG*14, ZH15, vMM14].
Acoustic-Articulatory [HGAPB15].
Acoustic-Phonetic [CWJ15, CWJ16].
Acoustic-to-Articulatory [JJB16].
Acoustics

[BHBS16, BS14, DHCS15, SRH15].
Acquisition [PCW15, TH16]. Acronyms
[MK15a]. Across [CTSC14, YLD15]. Act
[MHBT15]. Acted [OR16a]. Activation
[ZYG114]. Active

[AKN+16, BSB14, CCl4a, CE14, GdC14,
LC16b, LFADG14, NNL15]. Activity
[CE15, CC14b, DTC15, DTC16, McL14,
YLY15, ZW16a). Ad [TICB16].
Adaptation [ARSLN16, BDV+14, DBM15,
GR14, LOWC16, MK15a, MSD14, NXCL16,
RLPK15, SS16, SR16b, SLR16, XYH14,
XAHJT14]. Adaptive

[AM16, BBC+16, CE15, DWX*16,
FWM*14a, FWM*14b, FNA15, FADARF16,
GCvWMJ14, HGAPB15, LC16b, LG16,
LFADG14, MZM15, MDM15, NTM16,
NW15, RG15b, RLK14, SP15, TMI6,
TZA14, TQY16, YK14]. Additive
[HCJT15]. Adequacy [BDL15].
Adjustable [WW15]. Adjusted [SABI16].
Adjustment [CWH'16]. Advancements
[LH14]. advancing [Anol4-115, Ano14-116].
Adverse [VMOL16]. Affective

[WYLZ16, WC16b]. Affine [ZN14]. against
[TK14]. AGC [YLD15]. Aging [KH16].
Agreement [PCB16b]. Aid

[SP15, WW15, YLJ16, KA16]. Aided
[MFG15, QMS16, hShWsL15]. Aids
[FWM*14a, FWM* 14b, KPH15, MHD15,
MHGD15, NNL15, SGM*15, SD16b, SD16a].
Air [SFK15]. Air- [SFK15]. Alaryngeal
[DTN*14]. Algorithm

[CBA+15, CCl4a, CC15, DC16, DG15,
GLQ16, GB14, JT16, KBGAP'16, SOF15,
SGH15a, SGH16, SRH15, YBC*14, YK14,
YND14, ZZN*16, ZZH16]. Algorithms
[BY15, CRH*14, FADARF16, LFEdDG14,
MHGD15, SG14, SMVW14, TR14a, ZP15,

ZN14]. Aliasing [AR16, RKN14]. Aligned
[ZB14]. Aligned-Parallel-Corpora [ZB14].
Aligning [BCA15]. Alignment

[CWJ16, HS15, NNS16, TS16, WED16].
All-Pole [SKH*15a]. Allocation [RV14].
Allpass [VM15]. Alternating [ES16].
Alternative [HWW16]. AM [VS14].
Ambient [HTG14, HGT15a, HGT15b).
Amen [DM16]. Amplitude

[DAR16, KBG16b, MAT15, MAK15).
Analog [YLD15]. Analysis

[ARSA14, AM16, AZGN14, BDV*14,
BSB14, CZG*+15, CH15, CPL14, DV14a,
Hacl4, HMDG15, HDG16, HH14, HM14,
IIY16, KOS™16, LHD16, MHGD15, MDM15,
MGT15, OWA15, PDST16, PCB15, SAP14,
VM15, WC16a, ZA14, Anol6-52, Anol6-53,
Anol6-54, Anol16-55, Anol6-56, Anol6-57].
Analytic [VS14, WAS16]. Analyzing
[ARWT16]. ANC [GLQ16]. Anechoic
[ZWW15]. Angle [PCB14]. Anisotropic
[TOKS14]. Annotation [MHBT15].
Annotations [ZWCT15]. ANSI [YLJ16].
Answering [ZXH*"16]. Anthropometric
[GMFG16]. Anti [WDD*16].
Anti-Spoofing [WDD"16]. APA
[ZYG14]. Aperiodic [CT14]. Application
[CHC+14, GKC16, LLR*16, PDS*16,
RKL14, SAB16, SHD14, SMVW14, TR14a,
WZS14, ZCDS15, ZZH16]. Applications
[CC15, SRH15, SP15]. Applied

[Brel5, DM16]. Approach [APH14, AY15,
AKN*16, BCA15, BM15, CPCBFSF16,
CH16, DTDL16, FGQ*15, GMFG16, JT15,
LS14a, LD16, MH16, MSD14, OR16b,
SD16a, TMH* 14, WHRC16, XWZ16,
XYH14, XDDL15, ZA14, ZJD*15, ZSIA16].
Approaches [BD16, FLMS16, RHvdP*16].
Approximate [SOF15]. Approximation
[CY15, HCJT15, MBM15, SMVW14].
Approximations [WAS14]. Arabic
[RARRI15, ZB14]. Arbitrary

[NNS16, OIY " 14]. Architecture
[CRVB*15, RARR15, YLD15, YLJ16].



Areas [SAP14]. Argument [LZ16, ZZZ16].
Arousal [WYLZ16]. Array [GEC15, HL14,
JSR16, JEP14, LWZ*"14, NR14a, NHK16,
0ISO14, PCB15, SR14, SYWRK15, TP15,
TCY15, TR14b, TR15, WC16a]. Arrays
[AR16, CT14, Hacl4, HF15, PCB16a,
SLC™*15, SKDN14, TH14, TH16, TICB16,
WD16, ZA14, ZBC14]. Arrival [KK14,
NV14, SLC*15, TP15, TTH14, TR15].
Arrivals [KB14]. Art [MSRND14]. article
[Anol14-90, Anol4-91]. Articulatory
[CHWL14, HGAPB15, JJB16, NRCR14,
WSY14]. Aspect [CZGT15].
Aspect-Based [CZGT15]. ASR [GWGT14,
LAK16, TVJ15, WSY14, dICSVAGAPM15].
Assessment [KKK15]. Assisted [WsL15].
Asynchronous [CBAT15]. Attacks
[XNGT14]. Attributes [BHST16]. Audible
[McL14]. Audio [AZK15, AKBT16, AM16,
Anol4-45, Anol4-77, Anol4-54, Anol4-66,
Anol4-78, Anol4-55, Ano14-67, Anol4-T9,
Ano14-56, Anol14-68, Ano14-80, Anol4-57,
Anol4-69, Anol4-46, Anol4-58, Anol4-70,
Anol4-47, Anol4-59, Anol4-71, Anol4-48,
Ano14-60, Ano14-72, Ano14-49, Anol4-61,
Ano14-73, Anol14-50, Ano14-62, Anol4-74,
Anol4-51, Anol4-63, Anol4-75, Anol4-52,
Anol4-64, Anol4-76, Anol4-53, Anol4-65,
Anol4a, Anol5-40, Anol5-50, Anol5-41,
Anol5-51, Anol5-42, Anol5-52, Anol5-43,
Anol5-53, Anol5-44, Anol5-54, Anol5-45,
Anol5-55, Anol5-46, Anol5-56, Anol5-47,
Anol5-57, Anol5-48, Anol5-58, Anol5-49,
Anol5-59, Anol6k, Anol6l, Anol6-32,
Anol6-38, Anol6-33, Anol6-39, Anol6-29,
Anol16-30, Ano16-31, Anol6-34, Anol6-36,
Ano16-40, Anol16-35, Anol6-37, Anol6-41,
Anol6i, Anol6j, AB14, AB15, BV16, BCA15,
Bayl5, BS14, Brel5, CHJ14]. Audio
[CWJ16, DHSG15, DTC15, FM15, FLB16,
GEC15, HTG14, HGT15a, HGT15b,
HWRC15, HGT15¢, JVR16, JYBT15, KA16,
KBGAPT'16, LBR16, LB16, MP16,
MSRND14, MMMDL*14, MBTB14, MK16,

NNS16, NR14b, NCC15, NLV16, ODG16,
PKA14, PCW15, PHM*16, RG15a,
ROL™15, SW16, SLOVB15, SKH™ 15a,
SKH*15b, TZZ"15a, VML14, XNG*14,
XNRG15, X016, vHK14]. Audio-Based
[ROLT15]. Audio-to-Score [NNS16].
Audio-Visual [AZK15, DTC15].
Audiobook [CBG15]. Audition [TR14b].
Auditory [CE15, CHWL14, DSMD15,
KGH*16, MAK15, SP16]. Aug [FWM+14a].
Augmentation [CGK15]. Augmented
[LLWJ16, RG15b, XWZ16]. Authors
[Anol14-66, Ano14-67, Ano14-68, Anol4-57,
Anol4-58, Anol14-59, Anol4-60, Anol4-61,
Anol4-62, Anol14-63, Anol4-64, Anol4-65,
Anol5-60, Anol5-61, Anol5-62, Anol5-63,
Anol5-64, Anol5-65, Anol5-66, Anol5-67,
Anol5-68, Anol5-69, Anol6-44, Anol6-45,
Anol6-36, Anol6-37, Anol6-42, Anol6-43,
Anol6g, Anol6h]. Auto [SZVZ16].
Autocorrelation [PT14]. AutoGuitarTab
[MFG15]. AutoMashUpper [DHYG14].
Automatic [ACRS14, AZGN14, BVGV15,
BHS™16, BD16, CJ15, CLW*16, DHYG14,
HYI*T15, HXWS15, KKK15, KG16,
LKHU14, LDGHU14, LS14b, LK16,
MSFK15, MSRND14, MAK15, MKA16,
NRCR14, OR16a, RARR15, RWF16,
SSKP16, SLW15, WW16]. Autoregressive
[GMH14, MIYO14, NCC15]. Auxiliary
[ZCY16]. Aware [QTY16].

Back [ACRS14, LH14, Anol4i, Anol4;j,
Anol4k, Anol4l, Anol4m, Anol4n, Anol4o,
Anol4p, Anoldq, Anol4r, Anolds, Anol4t,
Anol5n, Anolbo]. Back-end [LH14].
Back-off [ACRS14]. Background [RDP14].
BaNa [YBC'14]. Bandwidth

[LB16, Zivl5, ZPP15]. Bank

[AM16, MAK15, SGM*15, WW15, YLJ16].
Base [GJB15]. Based [AZK15, AGW15,
AJLW14, BVGV15, BCA15, Bayl5, BM15,
BSL15, BSL16, BD16, CSJD16, CZGt15,
CWW14, CHWL14, CJ15, CH15, CWJ16,



CY15, CC14b, CC15, CPSFC*14, CSAR'14,
CG16, DyWDM14, DMVP16, DTN*14,
DG15, FM15, FWM*14a, FWM*14b,
FLMS16, FLB16, FADARF16, GY14, GR14,
GCJ*14, HW14, HTG14, HGT15b, HBF*16,
HS15, HGT15¢, ITY16, ISZA15, JP14, JT14,
JYWGD15, KGP14, KDY14, KPH15, KK14,
KD16, KMG15, KGH'16, KBG16b,
LGTG16, LC16a, LB16, LK16, MIYO14,
MK15a, MHD15, MTBB15, MBD*15,
MK16, NNL15, NV14, OHN16, OIY*14,
ODG16, ODSM16, PCB16b, PT14, PM15,
PBQI15, QTY16, RV14, RDP14, RMBK14,
ROL™15, SS16, SDDCC15, SKSD14,
SMVW14, SK16b, SLC*15, SW16, SKDN14,
TOKS14, TOS14, TM14, TM16, TQY16,
TTH14, VML14, WS14, WYH*15]. Based
[WYLZ16, WD16, WLL*16, WVCL14,
WHLG14, WLL15b, WK16, XNG*+14,
XNRG15, XZW15, XDDL15, XO16,
XAHJ*14, YK14, YLY15, ZP15, ZCF14,
ZWCT15, ZKA15, ZW16a, ZH15, ZJDT15,
7B14, ZSIA16, Anol6-50, Anol6-51,
TMH*14]. Bass [MGT15]. Bayes [CY15].
Bayesian

[AV16, CY16, HAGSZ16, LHD16, MIYO14,
0ISO14, OIY*+14, SEM*14, VMOL16,
WAS14, WSH15, YSCZ15, ZDC14].
Beamformed [LWZ%14]. Beamformer
[HDG16, JTHN14, JSR16, LYN14, PCB14,
ZH14]. Beamformers

[BCB15, DMVP16, HMDG15, Nonl4].
Beamforming

[AR16, ATP15, BCB15, CT14, HL14, JSR16,
PCB15, PCB16a, SR14]. Beat [ZDG14].
Belief [SHD14]|. Between [MVH16].
Beyond [sLGyLaC15]. Bidirectional
[CH16]. Bilingual [WZL"15, YsL15].
Binary [DAFS15, RBBG15|. Binaural
[AJLW14, AdHTJ16, DHSG15, HMDG15,
HDG16, JSR16, JWLF14, MHD15, MHGD15,
SR14, SYWRK15, SBVM16, VS14, YND14].
Bio [ARW'16]. Bio-Inspired [ARW*16].
Biologically [dICSVAGAPM15].

Biomimetic [YLD15]. Biosignal
[Anol6-50, Anol6-51]. Biosignal-based
[Anol6-50, Anol6-51]. Bit

[CLAG16, SKH™15b]. Blank

[Anoldi, Anol4j, Anoldk, Anoldl, Anoldm,
Anol4n, Anol4o, Anoldp, Anoldq, Anoldr,
Anolds, Anol4t, Anol4b, Anoldc, Anol4d,
Anol4e, Anol4f, Anoldg, Anoldh, Anolbn,
Anolbo, Anol5a, Anol5b, Anolbc, Anolbhd,
Anolbe, Anolbsf, Anolbg, Anol5h, Anolbi,
Anolbj, Anol5k, Anol5l, Anol5m, Anol6a,
Anol6b, Anol6e, Anol6d, Anol6e, Anol6f].
Blind [BV16, KOS™16, NV14, SH14a,
SOF15, SH14b]. Block [FADARF16, LG16).
Block-Based [FADARF16]. Block-Sparse
[LG16]. Blocking [WGD15]. Boltzmann
[NTA15, NTM16]. Bone [SFK15].
Bone-Conduction [SFK15]. Boosting
[ZW16a]. Bottleneck [WK16]. Boundary
[BHBS16]. Bounded [RLPK15]. BPTT
[CH16]. Break [DM16]. Broadband
[BCB15, CT14, Nonl4, RMBK14].
Broadcast [CLCT15, PBQ15, XO16]. BSS
[CY15, OG14]. Build [ARSLN16, PCB16b).

C50 [PSL*16]. Calculation [MV14].
Calibration [KH16]. can

[Anol5z, Anol5-27]. Cancellation

[AR16, CSAR™ 14, FWM*14a, FWM* 14b,
GCvWMJ14, MV14, SK16a, SLGA15, SP15,
ZZH16, ZYG*14]. Candidate [CWH*16].
Capabilities [CDA*14]. Capacity
[XNRG15]. Cascaded [HGAPBI15, NR14b].
Cascading [sLGyLaC15]. Case [WC16a].
Casting [OR16a]. Categories

[Anol6k, Anol6l]. Center

[Anol6-48, Anol6-49]. Cepstral

[DP16, JT15, KS16]. Challenge [EGMN16].
Challenges [TD16]. Change [PCB16b].
Channel

[BXY14, DTDL16, JyWGD15, KD16, KG14,
MHD15, MHGD15, MK15b, MK15c,
PSL*16, SGM*15, SLOVB15, SKAK16,
TZA14, WWD14, WYSD15, YND14, ZPP15).



Channels [YLD15]. Characterization
[PHK16]. Characterizing [CTSC14].
Chinese [LZC%14, LZ16, WSY14]. Chord
[(CB14, MSRND14]. Chunk [CH16]. CI
[SF14]. Circular [HF15, WAS16, ZA14].
Clarity [LCC*15]. Class [CSJD16, CJ15].
Class-Based [CSJD16]. Class-Normalized
[CJ15]. Classes [LWZZ16]. Classification
[CWW14, CHJ14, DTL15, HS15, JWLF14,
LJX*16, LLWJ16, MZX 15, OHNI16,
PKA14, PMMM15, RG15a, SLY14,
TQW™*15, WAS14, VZC14].
Classification-Based [CWW14].
Classifiers [PCB16b]. Clear [NHK16].
CLOpinionMiner [ZWX15]. Closed
[ARSA14]. Closure

[DP16, KDY 14, KKGH16]. Closure/
Opening [KKGH16]. Cluster [TQY16].
Clustering [AB14, AB15, HPB15, KSK*15,
ODG16, SKDN14, WLL*15a, XYH14,
X016, ZJDT15]. Clustering-Based
[ODG16, SKDN14]. Co

[CBCL15, DHSG15, HL15, SLC*15).
Co-Factorization [HL15].
Co-Localization [DHSG15].
Co-occurrence [CBCL15]. Co-Prime
[SLC*15]. Cochannel [ZWW15]. Cochlear
[CEMM14, NWM16, SF14, SMVW14,
YLD15]. Cochleograms [dICSVAGAPM15].
Code

[AVK*15, HLL15, WSY14, WSH15, YsL15].
Code-Mixed [HLL15]. Code-Switched
[YsL15]. Code-Switching

[AVKT15, WSY14, WSH15]. Codebook
[VML14]. Codebook-Based [VML14].
Coder [SKH'15a, SKH'15b]. Codes
[XAHJ*14]. Coding [CLAG16, CDW16,
JSYW16, MK16, SKHT15a]. Coefficients
[DP16, GI15, ISZA15, KS16, KBG16b,
MKAT14]. Coherence

[MHD15, SGH16, XZW15]. Coherent
[SK15]. Coherent-to-Diffuse [SK15].
Collabratec [Anol6-46, Anol6-47].
Combination

[CPCBFSF16, CJ15, FADARF16, ITY16).
Combined [BCB15, MHGD15].
Combining [CMY16, KSK*15, LCC*15,
RDP14, SY15, WJ15a]. Comments [CE14].
Common [SD16b, SD16a).
Communication [Ano16-50, Anol6-51].
Community [WYLZ16, ZXH*16].
Community-Based [WYLZ16]. Compact
[MBD*15, SRH15]. Companding [Ziv15].
Comparison [KBV16, WDD*16, vHHK14].
Compensation [DH14, LC16b, MJJ T 14,
Nos16, TZA14, WVCL14]. Complete
[CE14]. Complex

[HLL15, HHC16, KBG16b, WWW16].
Complex-Valued [HHC16]. Complexity
[CBA*15, FWM*14a, FWM+14b, FMD14,
HL14, NWM16, SLC+15, SLW15, WW15)].
Component [I[TY16]. Components [CB14].
Composition [CLAG16, MFG15].
Compositionality [DWXT16].
Compressed [MCD14]. Compression
[CZGT15, KGH™16, NR14b]. Compressive
[WLL*16, WZS14]. Computational
[SSKP16]. Computationally

[KAJC16, MDM15]. Computer

[MFG15, QMS16, hShWsL15, WsL15)].
Computer-Aided

[MFG15, QMS16, hShWsL15].
Computer-Assisted [WsL15].
Concealment [L.C16a]. Conditional
[RLPK15, YLL15]. Conditions [BHBS16,
RKN14, SLGZ15, ZWW14, ZWW15].
Conduction [SFK15]. Configuration
[TR14b]. Confused [RARR15]. Confusion
[LHD16]. Connectives [MHPB15].
Considering [WZS14]. Consistency
[LZ16]. Consistent [JT15]. Constituent
[ZDC14]. Constrained

MHGD15, RMBK14, YSCZ15].
Constraints [HMDG15]. Construction
[VS14, WSY14]. Containing [NNS16].
Content [yLsL14, sLGyLaC15]. Contents
[Ano14-92, Anol4-93, Anol14-96, Anol4-97,
Anol4-100, Anol4-101, Anol4-104,



Anol4-105, Anol4-108, Anol4-109,
Anol4-112, Anol4-113, Anol5-79, Anol5-80,
Anol5-81, Anol15-82, Anol5-83, Anol5-84,
Anol5-85, Anol5-86, Anol5-87, Anol5-88,
Anol5-89, Ano15-90, Anol5-91, Anol5-92,
Anol5-93, Anol6-58, Anol6-59, Anol6-62,
Anol6-63, Anol6-64, Anol6-65, Anol6-66,
Anol6-67, Anol6-68, Anol6-69, Anol6-70,
Anol6-71, Anol6-72, Anol6-73, Anol6-74,
Anol6-75, Anol4-94, Anol4-95, Ano14-98,
Ano14-99, Anol4-102, Ano14-103,
Anol4-106, Anol4-107, Anol4-110,
Anol4-111, Anol4-114, Anol5-75, Anol5-76,
Anol5-77, Anol15-78, Ano16-60, Anol6-61].
Context [CGLT15, CH16, CBCL15,
CDW16, WS14, WHLG14, ZDC14].
Context-Dependent

[CDW16, WS14, WHLG14].
Context-Sensitive-Chunk [CH16].
Contextual [ZW16a]. Continuous
[BDL15, DB15, FGQ+15, LFH+15, WZL*15].
Continuous-Space [WZL"15]. Contours
[KYT*15]. Contraction [WHLG14].
Contrast [SDDCC15]. Contributions
[SLR16]. Control

[AKN+16, BSB14, CCl4a, CE14, CDA*+14,
GdC14, LFdDG14, SLW15, TM16].
Controlled [KGHT™16, LCWC16, CHC*14].
Controllers [BSB14]. Controls [PCW15].
Conversation [WWLL14]. Conversational
[MSFK15, WTHJ14, YB14]. Conversations
[HPB15, SWZ16, YB14]. Conversion
[ATA16, CLLD14, DTN*14, NTA15,
NTM16, PM15, WVCL14]. Converting
[ACRS14]. Convex [JBTL15].
Convolutional [AHMJ*14, CDW16,
JSYW16, QBTY16, SP16]. Convolutive
[BP14, CY15, KBGAP+16, MD16, SOF15].
Convolved [SDDCC15]. Cooperative
[ZCDS15]. Corpora [ZB14]. Corpus
[CWHT16]. Correction [FWM*14a].
Correlated [PSL*16]. Correlation
[ATP16, WD16, PT14]. Correlations
[SM14]. Cosine [SKSD14]. Cost

[CPSFC*14, SSKP16, ZN14].
Countermeasures [WDD%116]. Counting
[WHRC16]. Coupled [AZK15, BVGV15].
Coupled-HMM-Based [AZK15]. Course
[yLSYT14]. Covariance

[EJ16, NV14, ZF14]. Cover

[Anol4u, Anoldv, Anol4-29, Anol4-30,
Anol4-31, Anol4-32, Anol5r, Anolbs,
Anolbv, Anolbsw, Anol5x, Anol5y, Anol6o,
Anol6p, Anol6q, Anol6r, Anol6s, Anol6t,
FDK15, Anoldi, Anol4j, Anoldk, Anol4l,
Anol4m, Anol4n, Anol4o, Anoldp, Anoldq,
Anol4r, Anol4s, Anol4t, Anoldw, Anol4x,
Anoldy, Anoldz, Anol4-27, Anol4-28,
Anolbn, Anolbo, Anol5p, Anolsq, Anol5t,
Anol5u, Anol6m, Anol6n]. Creation
[DHYG14]. Cries [SK16Db]. Criteria
[JBTL15, WJ15b]. Criterion

[HXWS15, WSH15]. Cross

[CHWL14, DAFS15, LJX*16, LGR14, PT14,
PM15, YsL15, ZZZ16, ZWX15).
Cross-correlation [PT14].
Cross-Language [YsL15, ZZZ16, ZWX15].
Cross-Lingual

[CHWL14, LJXT16, LGR14, PM15].
Cross-Show [DAFS15]. Crosstalk [MV14].
Cue [HMDG15, MHGD15, SBVM16].
Cumulative [CPSFCT14].
Cumulative-Sum-Based [CPSFCT14].
Current [SLGA15]. Curve [MTBB15].
Custom [ISZA15]. Cylindrical [KFH'14].

D [CT14, SMH14, WAS16, vMM14]. Dance
[GKC16]. Data

[ARSLN16, Brels, CBG15, CMY16, CGK15,
FMB16, LAK16, MSD14, XYH14].
Database [WDD*16].
De-synchronization [XNG'14]. Decay
[BY15, SH14b]. Decoding

[ACRS14, MHBT15]. Decomposition
[JP14, MK15b, TZA14, TZZ+15a, WCY15].
Decorrelation [ZZH16]. Decoupling
[CBCL15]. Deep [CLAG16, CLLD14,
CRVB*15, CM15, CH16, CGK15, CG16,



DTDLI16, FLMS16, HKHJS15, JWLF14,
LC16a, LS14a, MZX 15, MZM15, MKA16,
NW15, NLV16, PDS*16, QBTY16, RARR15,
$S16, SHD14, SZVZ16, TQY16, WS14,
WYSD15, XDDL15, XAHJ*14, ZW16a,
ZW16b, ZZN+16, ZJD*15]. Defined
[MTBB15]. Deformed [SLOVB15]. Delay
[APH14, AM16, BRD15, CRH* 14, DV14b,
DHCS15, HL14, SKH*15a, SKH+15b, ZH14).
Delay-Free [DV14b]. Delay-Lines [HL14].
Delta [WSH15]. Delta-Bayesian [WSH15].
Demixing [FLB16]. Demodulation
[AS15, VS14]. Denoising

[Bay1l5, HWW*15]. Density [WGD15].
Dependency [CZZ15, LZCT14, LIWJ16,
ODSM16, SKK14]. Dependent

[CDW16, DMVP16, SKAK16, SAK16,
WS14, WHLG14]. Dereverberation
[HWW*15, JyWGD15, KD16, LZHN14,
MIYO14, MD16, OIY*14, RKL14, SEM*14,
SGH15b, SGH15a, SGH16, SK15, TK14,
YK14]. Derived [MVH16, SLY14].
Descriptor [FMD14]. Design [BSB14,
CFMM14, CT14, HL14, JEP14, JK15,
LYN14, Nonl4, PBC16, WW15, ZBC14].
Detect [SK16b]. Detecting [KB14].
Detection [CE15, CC14b, DTC15, DTC16,
FZ7+15, GdC14, HXWS15, KDY14, KPH15,
KKGH16, LLRT16, MAP14, McL14, MAT15,
PMMM15, QMS16, SGA15, Terl6, WAS14,
WsL15, WSH15, YBCT14, YB14, YLY15,
ZW16a, ZH15, ZB14]. Determinantal
[XO16]. Determination [ZKA15].
Determine [BM15]. Determined
[KOS*16, 0OG14, WRC16]. Deterministic
[WC16a]. Device [HWRC15].
Diacritization [RARR15]. Diagnosis
[QMS16]. Diagonalization [SOF15].
Dialect [BDV*14, GJB15, HYI*15].
Dialects [CTSC14]. Dialog [WLL15b].
Dialogue [GY14, MHBT15, RLK14,
hShWsL15, YSCZ15]. Diarization
[DAFS15, FMB16, SKSD14, YB14].
Dictionaries [BVGV15]. Dictionary

[BXY14, GFG*14, RBR16]. Difference
[BS14, CC14b, SYWRK15]. Differences
[CTSC14]. Differentiable [SR16b].
Differential [PCB15, WC16a, ZBC14].
Diffuse [SK15]. Diffuseness [EJ16].
Diffusion [DTC15]. Digit [SAK16]. Digital
[Anol5-28, Ano15-29, LC16a, PCLP14,
SAA15, SRH15, SMH14]. Dimension
[MJJ*14]. Dimensional [ZA14]. Direct
[NR14a]. Direct-Path [NR14a]. Direction
[KK14, NV14, PCB16b, SLC*15, TP15,
TTH14, TR15]. Direction-of-Arrival
[KK14, SLC*15, TTH14]. Directional
[KSK*15, TS14]. Directions [ES16].
Directivity [PBC16, RHvdP+16, WC16a).
Dirichlet [Chil5a, TP16]. Disambiguating
[MHPB15]. Discourse

[BSL15, HNY*15, MHPB15, WYH*15].
Discovery

[KJG16, SHDG16, WsL15, XO16].
Discriminant

[CPL14, WCC*15, XAHJ*14].
Discriminating [AY15]. Discriminative
[BXY14, HXWS15, LAK16, TR14a, WJ15b).
Discriminatively [ZF14]. Disease
[NRCR14]. Disorders [NRCR14].
Dissonance [MBTB14]. Distance
[CBCL15, SKSD14]. Distance-Based
[SKSD14]. Distant

[MH16, NHK16, WHRC16]. Distortion
[DH14, FNA15, MJJ+14]. Distributed
[CBA*15, CZZ15, MH16, SAP14, SKDN14,
SKH*+15a, TH14, TH16, TCY15, WD16,
WRC16, ZH14, ZCY16]. Distribution
[ATP15]. Distributions

[ATP16, WAS16, CPL14]. Disturbances
[NCC15]. Divergence [SLGZ15].
Divergences [SDDCC15]. Diverse
[TZZ15b]. Diversity [AZGN14]. DNN
[WSY14, WK16]. DNN-Based [WK16].
DNN-Extracted [WSY14]. DOA
[JTHN14, JCBJ15, KAJC16, RKN14,
WAJL15]. Document

[HPB15, HNY*15, yLsL14, YW14].



Document/Query [yLsL14]. Documents
[MBD*15]. Domain [ARSLN16, AGW15,
BP14, BHBS16, DMVP16, DBM15, GEC15,
GCvWMJ14, HHC16, JTHN14, KFH* 14,
LPHCB14, LKHU14, MAP14, OG14, SK16a,
TM16, Terl6, VDM15, WZS14]. Domains
[RKL14]. Dominance [NR14a]. Double
[GCvWMJ14]. Double-Talk-Robust
[GCYWMJ14]. Doubly [TP16]. DP [CJ15].
DP-Based [CJ15]. Drum [DM16]. Dual
[CC14b, JEP14, KK14]. Dual-Microphone
[CC14b, KK14]. Dual-Radius [JEP14].
Dyadic [SWZ16]. Dynamic [AZK15, KB14,
KGH*16, MAP14, MV14, WLL15b].
Dynamics [PK15]. Dysarthric [KKK15].

Early [SGH15b]. Echo

[CSAR*14, GCvWMJ14, HGT15¢, LB16,
SK16a, SLGA15, TK14, ZZH16, ZYG+14].
Echo-Based [HGT15¢]|. Edics

[Anol6-32, Anol6-33, Anol6-34, Anol6-35,
Anol6i, Anol6j, Anol4-45, Anold-54,
Anol4-55, Anol4-56, Anol4-46, Anol4-47,
Anol4-48, Anol14-49, Anol4-50, Anol4-51,
Anol4-52, Anol4-53, Anol5-40, Anol5-41,
Anol5-42;, Anol5-43, Anol5-44, Anol5-45,
Ano15-46, Anol15-47, Anol5-48, Anol5-49,
Anol16k, Anol6l]. Editing [BBCT16].
Editorial [DRFO14, Lil5, Denl14]. Effect
[LD16]. Effective

[CBCL15, CL14a, YND14]. Effects
[NWM16]. Efficient [ACRS14, CLW™16,
DHCS15, HAGSZ16, KAJC16, LCWT16,
MBM15, MDM15, Nos16, SAPB15, TZA14,
TS16, WED16, YLJ16, YSCZ15]. Effort
[SAB16]. EGG [CMY16]. Eigenvalue
[JP14]. Eigenvoice [DTN*14, MSD14].
ELD [CRH"14]. Electronics

[Anol6u, Anol6v]. Elimination [NCC15].
Embedded [DvWDM14].
Embedded-Optimization-Based
[DvWDM14]. Embedding

[PDS*16, XNRG15]. Embeddings [KJG16].
Embracing [Lil5]. EMD [ZCF14].

Emotion [GFG*14, PCB16b, TD16,
WCC*15, WC16b, ZCDS15]. Empirical
[ARSLN16, CSJD16, ZKA15]. Encoder
[SZVZ16]. Encoding [JYB*15]. End
[HCJT15, NW14, SBD16, LH14].
End-to-End [SBD16]. Energy

[ISZA15, ZSTA16]. Engineering [DM16].
English [CTSC14, WSY14]. Enhanced
[GWGT14, NR14b, PK15, ZZZ16].
Enhancement [BVGV15, CH15, DP16,
DBK15, DTN*14, ISZA15, JVR16, KGP14,
KK14, KBG16a, KG14, KDJJ16, LSH14,
MWT16, MPAEBLB15, MK15b, MK15c,
NJC16a, SLGZ15, SZVZ16, TOS14, TM14,
TJCB16, TWSS16, TE16, WLL*16, WZS14,
XDDL15, ZCF14, ZH14]. Enhancer [TM16].
Enhancing [EZS14, HHC16]. Enjoyable
[MSFK15]. Enrollment [LH14]. Ensemble
[AZGN14, LB16, TMH™ 14, ZW16b)].
Entropy [MK16, WLL15b].
Entropy-Based [WLL15b]. Envelope
[DSMD15, DAR16]. Environment

[FNA15, TMH"14]. Environmental
[SSKP16, YND14]|. Environments
[DBK15, FZZ*15, LSH14, SK16b, VMOL16].
Equalization [FADARF16, KD16, RKL14].
Equalizer [LC16b, RVB14]. Ergodic
[TP16]. Error [GCJT14, GCvWMJ14, JT15,
OHN16, WsL15, WK16]. Errors

[NNS16, Non14]. ESPRIT [WAJL15)].
Estimates

[APH14, JTHN14, KGH*16, TTH14].
Estimating [KGP14, OHN16]. Estimation
[AB15, CH15, CL14a, DAR16, EGMN16,
FWM*14a, FWM*14b, GKC16, GB14,
HAGSZ16, HTG14, HGT15a, ITY16, JP14,
JCBJ15, JT15, JBTL15, KAJC16, KK14,
KKGH16, KBG16b, KDJJ16, MPAEBLB15,
MKA+14, MSRND14, MAT15, MK15b,
MK15¢, NJC16a, NJC16b, PT14, PCLP14,
RKN14, SM14, SD16b, SD16a, SH14b,
SGH16, SK15, SLCH15, SFK15, SY15,
SKH*15a, SLGZ15, SZVZ16, TP15, Terl6,
TG16, TR15, TVJ15, TMH* 14, TE16,



WGD15, WD16, WAJL15, ZG16, ZZN+16].
Estimator [PSLT16]. Estimators [SH14b].
Evaluated [PM15]. Evaluating [BDL15].
Evaluation [BBC*16, Brel5, CLW'16,
JSR16, JEP14, NRCR14, YLD15]. Event
[FZZ*15, JP14, LLR*16, LZ16, MZX*15,
PMMM15, SGA15, WSH15, Anol6-52,
Anol6-53, Anol6-54, Anol6-55, Anol6-56,
Anol6-57]. Event-Based [JP14]. Events
[CPSFC*14, PHM'16]. Evolution

[LB16, SWZ16, WLL15b]. Example
[MAP14]. Exemplar [BVGV15, KGP14,
WWD14, WVCL14, YGV14].
Exemplar-Based

[BVGV15, KGP14, WVCL14]. Expanding
[DRFO14]. Expansion

[CWH*16, LPHCB14, yLsL14].
Expectation [DG15, LSH14, SGH16].
Expectation-Maximization

[DG15, LSH14, SGH16]. Explicit

[DV14b, SRH15, vMM14]. Exploiting
[ODSM16, SWZ16, WWLL14]. Exploring
[TZZ15b]. Exponential

[CPCBFSF16, FOBP15, HOF15].
Expression [CBG15]. Expressive
[MSFK15]. Expressiveness [CBG15].
Extensible [ES16]. Extension

[LB16, ZPP15]. Extracted [WSY14].
Extraction

[AV16, CWJ15, CL14a, GMH14, HPB15,
HTG14, HGT15a, HGT15b, LZ16, MABT16,
MAK15, RMBK14, SAB16, TH14, ZWX15].
Extractive [CLCT15, LCC*15, YW14].

FO [AB15, CWJ15, IIY16]. F1 [HXWS15].
F1-Score [HXWS15]. Factor

[BDV+14, CC15, HH14, QTY16]. Factored
[AVK*15]. Factorization

[ATA16, BV16, CBG15, CY16, HL15,
KSK*15, KOS*16, MH16, ZXH"16].
Factorized [CL14a, SS16]. Factors
[SKAK16, WWLL14, WC16a, ZYG™14].
Family [HBLC14, TR14a]. Far

[ATP15, ZSIA16]. Far-field [ATP15].

Farewell [Denl4]. Fast

[CRH*14, CL14a, Cuml15, DAFSI15,
KKGH16, ODG16, XAHJ*14]. FDAF
[GCvWMJ14]. FDTD [SRH15, vMM14].
Feature

[AV16, BY15, CWW14, CHJ14, CZZ15,
DH14, GMH14, KGP14, LWZ+14, MAK15,
NXCL16, SAB16, SKDN14, VML14, ZDG14)].
Features [AVK'15, CSJD16, CHWL14,
DHSG15, DB15, FOBP15, GKC16,
GMFG16, HLL15, JT15, PKA14, SGA15,
SKK14, TD16, TZZ15b, WSY14, WKI6,
YB14, dICSVAGAPM15, VZC14]. Feedback
[BRD15, FWM* 14a, FWM™* 14b, SD16b,
SD16a, SLGA15, SP15, XYH14].
Feedforward [BSB14, CCl4a, SNS15].
Fibonacci [FM15]. Field

[ATP16, EJ16, KBV16, KFH' 14, MAB*16,
WAS16, ZA14, ZSIA16, ATP15]. Fields
[CE15, YLL15]. Filling [MDY*15]. Filter
[AM16, DV14a, DV14b, FZZ"15,
GCvWMJ14, HAGSZ16, MAK15, MKA16,
MJJ+14, SGM*+15, SD16b, SGH15a,
SMVW14, SRH15, TTH14, TCY15, TE16,
WW15, YLJ16, ZCY16]. Filter-Bank
[SGM*15]. Filterbank

[CFMM14, SP16, SGA15, YLD15].
Filterbanks [CRHT14]. Filtered

[CCl4a, FADARF16, dICSVAGAPM15].
Filtered-x [FADARF16, CC14a]. Filtering
[ARSA14, AY15, DMVP16, GMH14,
JCBJ15, KFH*14, LG16, MHD15, MHGD15,
NCC15, RG15b, SR16a, TH14, TH16, ZH15).
Filtering-Based [MHD15]. Filters
[CCR16, FNA15, GEC15, Hell4, HBLC14,
JBC16, KHCW15, MV14, ZG16]. Finding
[HLL15]. Fingerprint [XO16].
Fingerprinting [HWRC15, ODG16, SW16].
Finite [BHBS16, BS14, SYWRK15, ZH15)].
First [WC16a, Anol5z, Anol5-27).
First-Order [WCl16a]. Fisher [ATP15].
Flamenco [KG16]. Flexible

[ARW*16, KBG16a]. Flow [GI15, WC16b).
Fluency [BDL15]. FM [VS14]. Following



[LD16]. Foreground [DP16]. Foreign
[BHST16, MK15a]. Forests [PMMM15].
Forgetting [CC15]. Formalism [KDY14].
Formant [FWM™14a, FWM*14b, YLY15].
Formant-Based [YLY15]. Formulation
[Bay15]. Fractional [Hell4].
Fractional-Order [Hell4]. Fragment
[HLL15]. Frame [CHWL14, DAR16, YsL15].
Frame-Level [YsL15]. Framework
[BDL15, CE15, ES16, GCvWMJ14, GIB15,
KBG16a, LJX*16, LSH14, MV14, QMS16,
RARR15, TQW+15, TJCB16, TR14b,
WW16, WLL15b, YsL15]. Free [DV14b).
Frequency [AM16, AY15, BP14,
GCvWMJ14, JP14, JCBJ15, JT15, KYI*15,
KGH*16, KBG16a, MAP14, MCD14,
NJC16b, OG14, RBR16, RG15a, RKL14,
SKH*15a, TM16, TZZ"15a, WCCT15,
YBC+14, ZKA15, ZG16, ZSIA16, ZH15].
Frequency-Domain [GCvWMJ14, TM16].
Front [Anol4u, Anoldv, Anoldw, Anol4x,
Anol4dy, Anoldz, Anol4-27, Ano14-28,
Anol4-29, Anol14-30, Anol4-31, Anol4-32,
Anol5p, Anol5q, Anolbr, Anol5s, Anol5t,
Anolbu, Anolbv, Anolbw, Anolbx, Anolby,
Anol6m, Anol6n, Anol6o, Anol6p, Anol6q,
Anol6r, Anol6s, Anol6t, NW14].
Front-End [NW14]. Full [Cum15, GLCT14].
Fully [BD16]. Function [BKK15, HMDG15,
ISZA15, KMG15, MVH16, MD16, PCB14,
SAPB15, SDDCC15, SMH14]. Functional
[BSL16, CSAR*14, ZA14, ZKA15).
Functions

[MBM15, MAT15, SGH15b, ZLLS16].
Fundamental [JP14, JCBJ15, KYIT15,
KBG16a, NJC16b, YBC*14, ZG16]. Fusing
[ZZ716]. Fusion [JVR16, VZC14].

Gabor [SGA15]. Gain [MAT15, Non14].
Game [hShWsL15]. Gaussian

[ATP16, BDV'14, BSB14, CY15, GY14,
GR14, HGAPB15, LGR14, NNL15,
RBBG15, SKHT15a, TZZ15a, VZC14].
Gaussian-Impulse [TZZ'15a].
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Gaussianization [MMMDL*14]. General
[BHBS16]. Generalized [DV14a, DV14b,
DTL15, JSR16, KPH15, MH16, SDDCC15,
SR14, SLW15, SKH*15a, VS14].
Generalized-Gaussian-Distributed
[SKH*15a]. Generated [EZS14, WWD14].
Generation

[HWW16, MSFK15, RLK14, WC16b, WK16].
Generative

[CLLD14, CRVBT15, GBH16, KYIT15].
Generic [RRAM16]. Genre

[PKA14, RV14, ROL"15]. Genre-Based
[RV14]. Geometric [APH14]. Geometries
[DAMvW15]. Gestures [HM14]. get
[Anol5z, Anol5-27]. Global [BSL15, Nos16].
Glottal

[ARSA14, DP16, KDY14, KKGH16, SR16a).
GMM [WWD14]. Gossip [ZH14]. GPU
[LFdDG14, ODG16, SRH15]. Gradient
[HF15]. Gradients [RG15a]. Gram
[MHBT15]. Grammar [ZDC14]. Graph
[LK16, WYLZ16, ZWCT15]. Graph-Based
[LK16, ZWCT15]. Graphic [RVB14].
Graphs [yLsL14]. Group

[Chil5b, ONKP16]. Growing [WZL'15].
Growth [Lil5]. Guest [HLL15]. Guided
[FZZ*15, ZA14]. Guitar [MFG15].

HAAQI [KA16]. Hammerstein
[DvWDM14]. Handling [HBF*16]. Hankel
[JP14]. Harmonic [AKB"16, DMVP16,
DHP14, EJ16, FNA15, JTHN14, KFH* 14,
MBTB14, MDM15, MK15b, PHK16,
TOKS14, TOS14, TM16, Terl6, Ziv15).
Harmonic/Percussive [TOKS14, TOS14].
Harmonics [ZKA15, Ziv15].
Harmonics-Based [ZKA15]. Head
[BKK15, MBM15]. Head-Related

[BKK15, MBM15]. Headphones

[GdC14, RG15b]. Hearing

[FWM*14a, FWM*14b, KPH15, MHD15,
MHGD15, NWM16, NNL15, SGM 15,
SD16b, SD16a, SP15, WW15, YLJ16, KA16].
Hearing-Aid [YLJ16, KA16]. Height



[KFH*14]. Hidden

[DBK15, PCW15, SS16, SLR16, TP16].
Hierarchical

[ARW*16, Chil5a, RV14, TP16, WCY15].
Hierarchies [FGQ™15]. High

[BP14, DTDL16, FNA15, GB14, KKGHI6,
NR14a, RVB14, WCY15, XNRG15].
High-Order [WCY15]. High-Precision
[FNA15, RVB14]. High-Resolution
[BP14, DTDL16, KKGH16]. Higher
[SAP14, vMM14]. Higher-Order [vMM14].
Highly [YsL15]. Histogram [RG15a].
History [CBCL15]. HMM

[AZK15, BD16, PM15, WWD14].
HMM-Based [BD16, PM15]. HMMs
[SLW15]. HMRFs [AB15]. Hoc [TJCB16].
Hough [DTL15]. Howling [KPH15]. HPM
[LCWC16]. HRTF [RHvdP*16, ZKA15].
HRTFs [GMFG16]. Human

[BBC*16, WDD*16]. Humanoid

[TR14b, TR15]. Hurst [ZCF14].
Hurst-Based [ZCF14]. Hypotheses
[LAK16]. Hysteresis [MTBB15].

idea [Anol5z, Anol5-27]. Identification
[AB14, HL15, LG16, MMMDL* 14, PBQ15,
ROL*15, SH14a, VTN15, YsL15, ZWW14,
ZWW15]. Identifying [FDK15]. IEEE
[Anol4-45, Ano14-77, Anol4-54, Anol4-66,
Anol4-78, Anol4-55, Anol4-67, Anol4-79,
Anol4-56, Anol14-68, Ano14-80, Anol4-57,
Anol4-69, Anol14-46, Anol4-58, Anol4-70,
Anol4-47, Anol4-59, Anol4-71, Anol4-48,
Anol4-60, Anol4-72, Anol4-49, Anol4-61,
Anol4-73, Anol14-50, Anol4-62, Anol4-74,
Anol4-51, Anol4-63, Anold-75, Anold-52,
Anol4-64, Anol4-76, Anol4-53, Anol4-65,
Anol4a, Anol4-33, Anol4-34, Ano14-35,
Anol4-36, Anol14-37, Anol4-38, Anol4-39,
Anol4-40, Anol4-41, Anol4-42, Anol4-43,
Anol4-44, Anol4-90, Ano14-91, Anol5-40,
Anol15-50, Anol5-41, Anol5-51, Anol5-42,
Anol5-52, Anol5-43, Anol5-53, Anol5-44,
Anol5-54, Anol5-45, Anol5-55, Anol5-46,

Anol5-56, Anol5-47, Anol5-57, Anol5-48,
Anol5-58, Anol15-49, Anol5-59, Anol5-28,
Anol5-29, Anol15-30, Anol5-31, Anol5-32,
Anol5-33, Anol5-34, Anol5-35, Anol5-36,
Ano15-37, Anol15-38, Ano15-39, Anol6k].
IEEE [Anol6l, Anol6-32, Anol6-38,
Anol6-33, Anol6-39, Anol6-29, Anol6-30,
Anol6-31, Anol6-34, Anol6-36, Anol6-40,
Anol16-35, Anol6-37, Anol6-41, Anol6-46,
Anol6-47, Anol6-48, Anol6-49, Anol6u,
Anol6v, Anol6-27, Anol6-28, Anol6w,
Anol6x, Anol6y, Anol6z, Anol6i, Anol6j,
Anol6g, Anol6h]. IEEE/ACM
[Anol4-45, Anol4-77, Anol4-54, Anol4-66,
Anol4-78, Anol4-55, Anold-67, Anol4-79,
Anol4-56, Anol4-68, Anol4-80, Anol4-57,
Anol4-69, Anol4-46, Anol4-58, Anol4-70,
Anol4-47, Anol4-59, Anol4-71, Anol4-48,
Anol4-60, Anol4-72, Anol4-49, Anol4-61,
Anol4-73, Anol4-50, Anol4-62, Anold-74,
Anol4-51, Anol4-63, Anold-75, Anold-52,
Anol4-64, Anol4-76, Anol4-53, Anol4-65,
Anol4a, Anol15-40, Anol5-50, Anol5-41,
Anol5-51, Anol5-42, Anol5-52, Anol5-43,
Anol5-53, Anol5-44, Anol5-54, Anol5-45,
Anol5-55, Anol15-46, Anol5-56, Anol5-47,
Anol5-57, Anol15-48, Anol5-58, Anol5-49,
Anol5-59, Anol6k, Anol6l, Anol6-32,
Anol6-38, Anol6-33, Anol6-39, Anol6-29,
Anol6-30, Anol16-31, Anol6-34, Anol6-36,
Ano16-40, Anol6-35, Anol6-37, Anol6-41,
Anol6i, Anol6j]. IT [DV14b]. Images
[DHSG15]. Imaging [MAST15].
Imbalanced [YsL15]. IMM [TCY15].
IMM-Unscented [TCY15]. Immersive

[HGT15a]. Impedance [BHBS16, SRH15].

Imperceptibility [HGT15¢]. Implant
[CFMM14, SF14, YLD15]. Implants
[SMVW14]. Implementation

[DV14b, LEADG14, Nos16, SRH15, ZN14].
Importance [CB14]. Improve

[HBF+16, KGP14, RRAM16]. Improved
[DH14, KG14, yLsL14, PCB15, SF14,
SGMT15, YsL15, YND14]. Improvement
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[HCJT15]. Improvements [BD16, ZSTA16].
Improving [DC16, HWW16, LWZZ16,
NW15, WJ15a, WK16]. Impulse [CCR16,
KB14, MCD14, TP15, Terl6, TZZ+15a)].
Impulsive [NCC15, RBBG15]. Imputation
[RLPK15]. Inaugural [Lil5]. Incidence
[PCB14]. Incomplete [KMG15].
Incorporating [HCJT15]. Increased
[SK16a]. Incremental

[CGLT15, MP16, RLK14]. Independent
[CMY16, EZS14, JJB16, KOS*16, WDD™16].
Index [Anol4a, KA16]. Indirect [PCW15].
Individual [CB14, ZYG™14]. Indoor
[LYN14]. Induction [ZDC14]. Inference
[AV16, Brel5, LZ16, SEMT14]. Inferring
[KHCW15]. Infinite [MIYO14].
Infinite-Order [MIYO14]. Influences
[CHC*14]. Information [ARSLN16,
Anol4-66, Anol4-67, Anol4-68, Anol4-57,
Anol4-58, Ano14-59, Anol4-60, Anol4-61,
Anol4-62, Anol4-63, Anol4-64, Anol4-65,
Ano14-33, Anol14-34, Ano14-35, Anol4-36,
Anol4-37, Anol14-38, Anol4-39, Anol14-40,
Anol4-41, Anol4-42, Anol4-43, Anol4-44,
Anol15-60, Anol15-61, Anol5-62, Anol5-63,
Anol5-64, Anol5-65, Anol5-66, Anol5-67,
Anol5-68, Anol5-69, Anol15-30, Anol5-31,
Anol5-32, Anol15-33, Anol5-34, Anol5-35,
Anol5-36, Anol5-37, Anol5-38, Anol5-39,
Anol6-42, Anol6-43, Anol6-44, Anol6-45,
Anol6u, Anol6v, Anol6-27, Anol6-28,
BSL15, CBCL15, FDK15, JT14, MK15b,
PDS*16, RRAM16, RMBK14, RLK14,
TM14, TM16, VML14, WJ15a, WSHI5,
ZW16a, Anol4-77, Anol4-78, Anol4-79,
Ano14-80, Ano14-69, Anol4-70, Anol4-71,
Anol4-72, Anol4-73, Anol4-74, Anol4-75,
Ano14-76, Ano15-50, Anol5-51, Anol5-52,
Ano15-53, Anol15-54, Anol5-55, Anol5-56].
information

[Anol5-57, Anol5-58, Anol5-59, Anol6-38,
Anol16-39, Ano16-36, Ano16-40, Anol6-37,
Anol6-41, Anol6g, Anol6h].
Information-Based [RMBK14].
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Information-Theoretic [FDK15].
Informed

[DM16, KBG16a, TH14, TTH14, WWD14].
Initial [WDD'16]. innovations [Den14].
Input [CHJ14, HM14, MMMDL* 14].
Inspired

[ARW*16, MAK15, dICSVAGAPM15].
Instance [BY15]. Instant [KKGH16].
Instantaneous

[JP14, KGH'16, NJC16b, TTH14]. Instants
[DP16, KDY14]. Instrumental [PCW15].
Integration

[GJB15, MKA16, SKDN14, VZC14)].
Intelligibility [AdHTJ16, EZS14, HCJT15,
JT14, JT16, KKK15, MJZ15, PK15, SF14,
TM14, ZSIA16]. Intensity [Hacl4].
Interaction [WWLL14|. Interaural
[MHD15]. Interference [HMDG15, TK14].
Interpolation [MCD14, RBBG15].
Intonation [TG16]. Intra [JYB*15].
Intra-Object [JYBT15]. Introducing
[Ano16-46, Anol6-47, Anol6-48, Anol6-49)].
Introduction [LFH'15]. Intrusive
[PSL*16]. Intuitive [CDAT14]. Invariant
[LM15]. Inverse

[ARSA14, AKNT16, SR16a, ZF14].
Inversion [DSMD15, HGAPB15, JJB16].
Investigation

[CSID16, LH14, NW14, PCLP14].
Irregularities [GAC14]. Issue

[Ano16-50, Anol6-51, Anol6-52, Anol6-53,
Anol6-54, Anol6-55, Anol6-56, Anol6-57].
Iterative [SOF15, WHRC16]. IVN [DH14].

Joint [AJLW14, HKHJS15, JCBJ15, KD16,
LZC*14, LZ16, MAT15, MK16, NW15,
PKA14, QTY16, SOF15, TQW+15, WW16,
WED16, WAJL15].

Kaiser [KPH15]. Kalman

[NCC15, SGH15a, TCY15]. Karhunen
[LPHCB14]. Keeping [Denl4]. Kernel
[DTC16, GI15]. Kernels [WTHIJ14]. Key
[DAFS15]. Keyword



[HPB15, HBFT16, WJ15b]. Kinematic
[JJB16]. Kinematic-Independent [JJB16].
KLT [RKL14]. Knowledge

[GJB15, yLSY*14]. Kullback [SLGZ15].

Labeling [DBM15]. Ladder

[DV14a, DV14b]. Language

[AVK*15, Anol4-45, Anold-77, Anold-54,
Ano14-66, Ano14-78, Anol4-55, Anol4-67,
Ano14-79, Anol14-56, Ano14-68, Anol4-80,
Anol4-57, Ano14-69, Anol4-46, Anol4-58,
Anol4-70, Anol4-47, Anol4-59, Anol4-71,
Anol4-48, Anol14-60, Anol4-72, Anol4-49,
Anol4-61, Anol4-73, Anol4-50, Anol4-62,
Anol4-74, Anol4-51, Anol4-63, Anol4-75,
Anol14-52, Anol4-64, Anol4-76, Anol4-53,
Anol4-65, Anol4a, Anol5-40, Anol5-50,
Anol5-41, Anol5-51, Anol5-42, Anol5-52,
Anol5-43, Anol5-53, Anol5-44, Anol5-54,
Anol15-45, Anol5-55, Anol5-46, Anol5-56,
Anol5-47, Anol5-57, Anol15-48, Anol5-58,
Ano15-49, Anol15-59, Anol6k, Anol6l,
Anol6-32, Anol6-38, Anol6-33, Anol6-39,
Anol6-29, Anol16-30, Anol6-31, Anol6-34,
Anol16-36, Anol6-40, Ano16-35, Anol6-37,
Anol6-41, Anol6i, Anol6j, ACRS14,
BDV*14, CPCBFSF16, CSJD16, CLC*15,
CLW16, Chil5a, CBCL15, DBM15,
FOBP15, FLMS16]. Language

[HLL15, HYT"15, HOF15, LFH'15,
LCC*15, LCW*16, MDY +15, RV14, RLK14,
SHD14, SHDG16, SNS15, VIN15, WZL+15,
WsL15, WSH15, YsL15, ZZZ16, ZWX15].
Languages [ZP15]. Laplace [Chil5b].
Large [CL14b, DB15, SAP14]. Large-Scale
[CL14b]. Lasso [RBR16]. Lasso-LS
[RBR16]. Late [BRD15, HCJT15]. Latent
[HM14, RV14, WTHJ14, WSH15, ZWCT15].
Lattice [LCWT16]. Law [SAB16]. Layer
[CLLD14, SS16]. Layer-Wise [CLLD14].
Layouts [CT14]. LCMYV [HDG16]. Lead
[MFG15]. Learning [AZK15, BXY14, CJ15,
CM15, CY16, FOBP15, FGQ*15, GFG*14,
GMFG16, HWWT15, yLSY 14, LK16,
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MP16, NNL15, PHM*16, RARR15, SP16,
SK16b, SLR16, TR14a, WsL15, ZCDS15,
ZW16b, ZXH*16, ZB14, ZPP15].
Learning-Based [SK16b]. Least
[LZHN14, SOF15, SD16b, ZZH16].
Least-Mean-Square [ZZH16].
Least-Squares [SOF15, SD16b]. Lecture
[yLSYT14]. Lectures [YsL15]. Legendre
[CCR16]. Leibler [SLGZ15]. Length
[CCl14a]. Level

[CHJ14, CC14b, FNA15, TQW*15, YsL15].
Levels [GB14]. Leveraging

[CLC*T15, XYH14, YW14]. Lexicon
[KJG16, ZWCT15]. Library

[Anol5-28, Anol5-29]. Likelihood
[CWJ15, CWJ16, CG16, HH14, KDJJ16].
Limited [HLL15, HOF15]. Limits [MK15c].
Limits-Potential [MK15c|. Line [TM16].
Linear [ARSA14, BSB14, BSL15, CPL14,
DV14a, DHSG15, GR14, GCJ*14, HTG14,
JBC16, JyWGD15, KKK15, MAP14,
NXCL16, PCB16a, SAB16, YK14]. Linearly
[MHGD15, RMBK14]. Lines [HL14].
Lingual

[CHWL14, LJXT16, LGR14, PM15].
Linguistic [DBM15]. Linguistics [OL15].
Link [CSAR'14]. Linking [FMB16]. List
[Anol4-81, Anol5-70]. Listening

[BA16, RG15b]. Listwise [ZLLS16]. LMS
[CC14a]. Local

[BSL15, CC15, LFdDG14, WAS16].
Localization [AKBT16, APH14, CBAT15,
CPSFC*14, DHSG15, DG15, HWRC15,
LGTG16, MBM15, NR14a, PHK16,
TWSS16, WRC16, WHRC16]. Locally
[DHSG15]. Locally-Linear [DHSG15].
Location [SKDN14]. Loéve [LPHCB14].
Logarithmic [LKHU14]. Logic [BM15].
Logic-Based [BM15]. Long

[CBCL15, NR14b, PDS*16, YB14].
Long-Term [YB14]. Loop

[DV14b, XYH14]. Loss

[LC16a, NWM16, XWZ16].
Loss-Augmented [XWZ16]. Loudspeaker



[BA16, DvWDM14, FNA15, GEC15, KBV16,
VDM15, ZA14]. Loudspeaker-Room
[BA16]. Loudspeaker-Signal-Domain
[VDM15]. Loudspeakers [MJJ114]. Low
[AM16, CBA+15, CLAG16, CWW14, CM15,
CRH*14, CPSFC*14, FWM* 14a,
FWM*14b, Hell4, HOF15, LGR14, MCD14,
PKA14, SMVW14, SLC+15, SKH*15a,
SKH*15b, SLGZ15, WW15, YLD15, ZN14].
Low-Bit-Rate [SKHT15b].
Low-Complexity [CBAT15, SLCT15].
Low-Cost [CPSFCT14, ZN14]. Low-Delay
[CRH*14, SKH*15a, SKHT15b]. Low-Pass
[Hel14]. Low-Rank

[HOF15, PKA14, SLGZ15, SMVW14].
Low-Resource [CM15, LGR14]. LPC
[WCY15]. LS [RBR16]. LSTM

[CH16, SNS15]. LVCSR [CH16]. Lyric
[WJ15a]. Lyrics [CWJ16].

Machine

[BBC+16, BY15, MHPB15, NTM16, TZZ15b,
WZL+15, XWZ16, XZW15, ZLLS16)].
Machines [CL14b, NTA15]. Magnitude
[SLY14]. Management [WLL15b].
Manager [GY14]. Mandarin

[CHC*14, HWW16, LCWC16]. Manifold
[GMFG16, LGTG16, TR14a]. Many
[ATA16, DTN*14]. Many-to-Many
[ATA16]. MAP [MSD14, TMH*14].
MAP-based [TMH*14]. Mapping
[HWW 15, LWZ"14]. Maps

[DTC15, MAB*16, WCC*15].
Marginalized [ZCY16]. market
[Anol5z, Anol5-27]. Markov

[DBK15, PCW15, TP16, YSCZ15].
Mashups [DHYG14]. Mask [RBBG15].
Masked [JT16]. Maskers [JT16]. Masking
[LS14a, WWW16, ZH15]. Masks
[HKHJS15]. Matching

[MKA™14, WZS14, YGV14]. Matrices
[LHD16, ZF14]. Matrix

[ATA16, HL15, JP14, KSK*15, KOST16,
SGH16, WGD15, ZXH™16]. max [SD16a].
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Maximization

[DG15, LSH14, SGH16, WD16].
Maximization-Based [WD16]. Maximum
[CG16, HH14, HBLC14, HXWS15, KDJJ16,
PBC16]. MaxNSR [WGD15]. Mean
[JT15, RLPK15, SKSD14, ZZH16].
Mean-Square [JT15]. Means [EZS14].
Measure [LCCT15, MJZ15].
Measurement [CCR16, FNA15].
Measurements [BKK15, Hac14, KMG15].
Measures [FDK15, MVH16, TM14].
Meeting [BSL16, FMB16, TS16, YB14].
Meetings [BSL15]. Mel

[DP16, JT15, LKHU14]. Mel-Frequency
[JT15]. Melody [CWJ15, RDP14, WJ15a).
Member [Anol5-28, Anol5-29]. Memory
[CL14a, GWG*14, PDS*16, ZYG*14].
Memory-Enhanced [GWG™14]. Mention
[ZB14]. Mesh [SMH14]. Meter [GKC16].
Method

[AGW15, DV14b, DTC16, GCvWMJ14,
JP14, KKGH16, MGT15, PCLP14, SR16a,
SAA15, SK16b, TG16, WCY15, WAJL15,
XNG*14, XNRG15, ZW16b, ZH15].
Methodology [PM15]. Methods

[JVR16, JCBJ15, JK15, KBV16, LFH* 15,
LCW+16, RDP14, WLL*15a, WAS16].
Metric [SF14]. Metrical [KHCW15].
Metrics [BDL15]. Micro [DB15].
Micro-Modulation [DB15].
Microcanonical [KDY14]. Microphone
[AR16, CBAT15, CC14b, Hacl4, JEP14,
KK14, LWZ*14, MVH16, NR14a, NHK16,
Nonl4, OISO14, PCB15, PCB16a, SGH15b,
SKDN14, SBVM16, TH14, TJCB16, TP15,
TCY15, TR14b, TR15, TE16, WDI16,
WCl16a, YLL15, ZCY16, ZBC14].
Microphones

[MH16, SAP14, SFK15, WRC16, WHRC16].
Min [SD16a]. Min-max [SD16a]. Minimal
[MSD14]. Minimax [Nonl4].
Minimization [CY15, GCJT14]. Minimum
[JT15, RMBK14, WK16]. Misequalization
[LC16b]. Mises [ATP15]. Mismatch



[SH14a, SAB16]. Mismatches [WC16a].
Mispronunciation [HXWS15, QMS16].
Mitigating [NWM16]. Mixed

[CHJ14, HLL15, HYI*15, TZZ"15a].
Mixed-to-Panned [CHJ14]. Mixing
[AJLW14, HYTT15]. Mixture

[BDV*14, CY15, DH14, GR14, HGAPB15,
LGR14, MPC16]. Mixtures [BP14, BV16,
DHP14, KBGAP*16, SDDCC15]. MMSE
[KBG16b]. MMSE-Based [KBG16b].
Modal [TZA14]. Mode [ZCF14]. Model
[ARW*16, AJLW14, BDV*14, BDLI15,
BCA15, CH16, CWJ15, Chilsa, CDA*14,
DV14b, DvWDM14, DBM15, GR14, HOF15,
KKK15, KGHt16, LLR*16, LKHU14,
LAK16, LJX*16, LS14b, MWT16, MDM15,
NV14, RLPK15, SR16b, SLR16, TQY16,
TZZ+15a, TP16, TG16, TWSS16, TZZ15b,
VMOL16, WZL+15, WYLZ16, WSH15,
ZDC14, Z7716]. Model-Based

[BCA15, KGH"16]. Modeling

[AKNT16, BP14, BHST16, CHC™ 14,
CLC*15, CWJ16, CBCL15, CC15, CGK15,
DAMvW15, DAFS15, FOBP15, GLQ16,
GBH16, GCJt14, ISZA15, KYI*15, LM15,
LWZZ16, LCC*15, LK16, LLWJ16, MD16,
MJJ+14, NCC15, OL15, RV14, SS16,
SLL*16, SMH14, SLY14, SNS15, TMH* 14,
VM15, WS14, WLL+15a, WCCT15, XZW15,
YsL15, ZKA15, ZJD*15, VZC14].
Modeling-Based [CC15]. Modelling
[ONKP16, WK16]. Models [AVK*15,
ACRS14, AGBC14, BS14, CPCBFSF16,
CLW*16, Chil5b, Cum15, DBK15,
DWX*16, DH14, GMH14, HH14, HYT*15,
LCWT16, LGR14, MZM15, NW15, PCW15].
Modification [DAR16]. Modifications
[EZS14]. Modify [TTB"16]. Modulated
[JT16]. Modulation [BV16, DB15, GMH14,
HHC16, MAK15, MKA16, TTB*16].
momentum [Denl4]. Monaural

[CH15, CY16, HKHJS15, JSYW16, TOS14,
WWW16, ZW16b]. Monolingual [PM15].
Montage [OR16b]. Moog [DV14a, DV14b].
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Morph [MK15a]. Morph-Based [MK15a].
Morphological

[FOBP15, HBF*16, LLR*16].
Morphologically [ZP15, dICSVAGAPM15].
Motif [XO16]. Motifs [XO16]. Motivated
[VS14]. Moving [TR15]. MPEG [CRH™'14].
MPEG-4 [CRH*14]. MT [BDL15]. Multi
[BSL15, DHYG14, DAR16, DWX* 16,
DHP14, FOBP15, GKC16, HWRC15,
JyWGD15, KD16, LH14, MHD15, MHGD15,
QTY16, SGH15b, SLOVB15, TZA14,
WYSD15, YW14, YLL15, YND14, ZDG14,
VZC14]. Multi-Channel

[JyWGD15, KD16, MHD15, MHGD15,
SLOVBI15, TZA14, YND14].
Multi-Compositionality [DWX116].
Multi-Device [HWRC15].
Multi-Document [YW14]. Multi-Factor
[QTY16]. Multi-Feature [ZDG14].
Multi-Frame [DAR16].
Multi-Microphone [SGH15b].
Multi-Party [BSL15]. Multi-pitch
[DHP14]. Multi-Purpose [GKC16].
Multi-Session [LH14]. Multi-Song
[DHYG14]. multi-style [VZC14].
Multi-Talker [WYSD15, YLL15].
Multi-Task [FOBP15]. Multichannel
[BP14, Bay15, KSK+15, LPHCB14, LBRI16,
LZHN14, LEADG14, NLV16, OTY*14,
RKL14, SEM*14, SK16a, SMVW14, TS14,
YK14]. Multilingual [ZXH"16].
Multimedia [Anol6g, Anol6h].
Multimicrophone [SGH16]. Multimodal
[HM14]. Multipitch [SY15]. Multiple
[ATA16, AB15, BA16, BCA15, JYB*15,
LWZ*14, LAK16, NR14a, PHK16,
SLOVB15, TOS14, TS16, WED16, ZA14,
ZH15, ZJD+15]. Multiplicity [PBC16].
Multirate [YLJ16]. Multiscale [KDY14].
Multitask [CM15]. Multiview

[GFG*14, MAST15, MBD*15]. Multizone
[CH14, JK15, RBR16]. Music

[AB15, CDW16, DHYG14, JSYW16,
KHCW15, KG16, NWM16, NNS16, PKA14,



RV14, RRAM16, SBD16, SY15, TOS14,
VML14, YBC*'14]. Musical

[ARW*16, AB14, FMD14, MP16, WED16].
Mutual

[ITY16, JT14, RMBK14, TM14, TM16, TK14].
MVDR [HMDG15, PCB14, SM14].

Names [MK15a, PBQ15]. Narrowband
[AS15, CE14, JTHN14, LC16b]. Natural
[CSJD16, CWH* 16, LFH*15, RG15b,
RLK14, SHD14]. Near

[ATP16, HCJT15, ZSTA16]. Near-End
[HCJT15]. Near-Field [ATP16]. Nearest
[MSD14]. Nearest-Neighbors [MSD14].
Neck [MVH16]. Neck-Surface [MVH16].
Negative [ATA16, BDV+14, MD16,
ONKP16, ZXH*16]. Neighbors [MSD14].
Network

[ACRS14, CLC*15, CLW'16, CGK15,
DWX*16, FLMS16, HW14, LCW*16,
MZM15, NW15, QTY16, SS16, SBD16,
TQY16, XAHJ*14, ZW16a, ZZN*16)].
Networks

[AHMJ*14, BRD15, CBA*15, CLAG16,
CLLD14, CM15, CPSFC*14, CG16, DHCS15,
DTDL16, GWG*14, HKHIS15, JWLF14,
LC16a, LS14a, LB16, MZX*15, MDY 15,
MKA16, NLV16, PDS*16, QBTY16, SHD14,
SNS15, TCY15, VMOL16, WAS14, WS14,
WYSD15, XDDL15, ZCY16, ZJD*15].
Neural [AHMJ 14, ACRS14, CLAG16,
CLLD14, CLC*15, CM15, CLW+16, CGK15,
CG16, DBM15, DWX*16, DTDL16,
FLMS16, GWG*14, HW14, HKHJS15,
JWLF14, LC16a, LS14a, LCW*16, MZX*15,
MDY *15, MZM15, MKA16, NW15, NLV16,
QTY16, QBTY16, SS16, SBD16, SNS15,
TQY16, WS14, WYSD15, XDDL15,

XAHJ 14, ZW16a, ZJD*15]. Neurogram
[MJZ15]. News [CLC*15]. NMF

[BP14, GWG+14, SLGZ15]. Noise

[AM16, AKN*16, BSB14, CCl4a, CE14,
CWW14, DBK15, EZS14, GI15, GB14,
GdC14, HH14, HCJT15, HBLC14, JTHN14,
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JT16, JBC16, KGP14, KAJC16, KD16,
KDJJ16, LPHCB14, LDGHU14, LS14a,
LC16b, LFEADG14, LSH14, MPAEBLBI5,
MPC16, MHD15, MHGD15, NW14, NJC16a,
PK15, QBTY16, RBBG15, SM14, SGM*15,
SEM*14, SGH15b, SGH16, SMVW14,
SLW15, SLGZ15, SZVZ16, SBVM16, TMI6,
TK14, TZZ*15a, TVJ15, WGD15, WZS14,
YBC+14, YGV14, ZSIA16, VZC14].
Noise-Independent [EZS14].
Noise-Robust [GI15, LDGHU14, LS14a].
Noisy [AdHTJ16, DH14, FZZ* 15, FNA15,
HW14, LKHU14, LH14, ZWW14]. Non
[ATA16, BP14, BDV+14, DBK15, LSH14,
MPAEBLB15, MAP14, MD16, NTM16,
NJC16a, ONKP16, PSL*T16, SOF15, TP16,
WJ15b, ZXH"16]. Non-Ergodic [TP16].
Non-Intrusive [PSL*16]. Non-Negative
[ATA16, BDV*14, MD16, ONKP16,
ZXH'16]. Non-Orthogonal [SOF15].
Non-Parallel [NTM16]. Non-Segmental
[MAP14]. Non-Stationary [BP14, DBK15,
LSH14, MPAEBLB15, NJC16a).
Non-Uniform [WJ15b]. Noncontinuous
[MAT15]. Nonlinear [CCR16, CSAR™ 14,
CG16, DV14b, MMMDL™*14, SLGA15].
Nonlinearly [AdHTJ16]. Nonnegative
[BV16, HL15, KSK+15, KOS*16, MH16].
Nonparametric [LM15, MIYO14, TVJ15].
Nonparametrics [0OISO14, OTY " 14].
Nonspeech [AY15, PHM*16].
Nonstationary [NJC16b, WAS14].
Nonuniqueness [SK16a]. NOPM [MJZ15].
Norm [DC16, GCJ*14]. Normalized
[CJ15, KS16, ZZH16, dICSVAGAPM15).
Note [ONKP16]. Novel

[BKK15, DV14b, LSH14, PCLP14, SR16a,
SP16, TG16, WCY15]. Null [PBC16].
Number [OIY"14]. Numbers [FM15].

Object [JYBT15]. Objective

[MGT15, PCLP14, TM14]. Objects
[JYBT15]. Observation

[LKHU14, NHK16, RLPK15]. occurrence



[CBCL15]. off [ACRS14]. Offset [WD16].
One [DTN*'14, MJJ*14]. One-Dimension
[MJJ*T14]. One-to-Many [DTNT14].
Online [AKN*16, CH15, MP16, SGH15a,
TMH*14, YK14]. OOV [HBF*16]. Open
[Anol14-82, Ano14-83, Ano14-84, Anol4-85,
Anol4-86, Anol14-87, Anol4-88, Anol14-89,
Anol5-71, Anol5-72, Anol5-73, Anol5-74,
Hacl4]. Operated [ISZA15]. Operator
[KPH15]. Opinion [MSFK15, ZWX15].
Opportunities [Lil5]. Optimal

[AR16, HCJT15, JBC16, NHK16, NJC16b,
SKH"15a]. Optimization [CFMM14,
DvWDM14, GEC15, GY14, HKHJS15,
JEP14, LZC*14, RBR16, TK14, TR14b].
Optimized [HGT15¢, MKA16, MK16].
Optimizing [BA16, BY15]. Order

[Hell4, MIYO14, PCB16a, SAP14, WCY15,
WC16a, vMM14, NCC15]. Organization
[yLSY*14]. Orientation [GI15]. Oriented
[WYHT"15]. Orthogonal

[DMVP16, MJZ15, SOF15]. Other
[DSMD15, ZP15]. our [DRFO14].
Over-Determined [0G14, WRC16].
Overlapping [LWZ114, YB14, Ziv15].
Overview [LDGHU14].

Packet [ISZA15, LC16a]. Packets
[FZZ*15]. page

[Anol4di, Anol4j, Anoldk, Anoldl, Anoldm,
Anol4n, Anoldo, Anoldp, Anoldq, Anoldr,
Anol4s, Anol4t, Anoldb, Anol4c, Anol4d,
Anol4e, Anol4f, Anoldg, Anoldh, Anolbn,
Anolb5o, Anolb5a, Anol5b, Anol5c, Anol5d,
Anol5e, Anol5f, Anol5g, Anolbh, Anolbi,
Anolbj, Anol5k, Anol5l, Anol5m, Anol6a,
Anol6b, Anol6e, Anol6d, Anol6e, Anol6f].

Pair [CBCL15]. Pairwise [CL14b, ZZN*16].

Panned [CHJ14]. Parallel

[CE14, JJB16, NTM16, RVB14, ZB14].
Parameter [SLW15]. Parameterization
[DV14a, SAPB15]. Parameters

[EGMN16, PCLP14, WCY15]. Parametric
[CRVB*15, LS14b, MJJ*14, Nos16,
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TTB*16, TTH14]. Parametrization
[VDM15]. Parkinson [NRCR14]. Parse
[SKK14]. Parsing

[CZZ15, LZCT14, ODSM16, WYH'15]. Part
[SD16a, DV14a, DV14b]. Partial [HL15].
Particle [KHCW15, ZCY16, ZG16, ZH15].
Parts [MFG15]. Party [BSL15]. Pass
[Hel14, QMS16]. Patchwork [XNG™14].
Patchwork-Based [XNG*114]. Path
[AKN*16, GLQL6, GAC14, NR14a]. Paths
[LLWJ16, SD16b, SD16a]. Pattern [DTL15].
Patterns

[PBC16, PHM 16, RHvdP 16, WsL15].
PCFG [ZWCT15]. PEFAC [GB14]. PEM
[GCYWMJ14]. ACM [Anol4-45, Anold-77,
Anol4-54, Anol14-66, Ano14-78, Anol4-55,
Anol4-67, Anol4-79, Anol4-56, Anol4-68,
Anol4-80, Anol4-57, Anol4-69, Anol4-46,
Anol4-58, Anol4-70, Anol4-47, Anol4-59,
Anol4-71, Anol4-48, Ano14-60, Anol4-72,
Ano14-49, Anol4-61, Anol4-73, Anol4-50,
Anol4-62, Anol4-74, Anol4-51, Anol4-63,
Anol4-75, Anol4-52, Anol4-64, Anol4-76,
Anol4-53, Anol4-65, Anol4a, Anol5-40,
Ano15-50, Anol15-41, Anol5-51, Anol5-42,
Ano15-52, Anol15-43, Anol5-53, Anol5-44,
Anol5-54, Anol15-45, Anol5-55, Anol5-46,
Anol5-56, Anol5-47, Anol5-57, Anol5-48,
Anol5-58, Anol5-49, Anol5-59, Anol6k,
Anol6l, Anol6-32, Anol6-38, Anol6-33,
Anol16-39, Ano16-29, Ano16-30, Anol6-31,
Anol6-34, Ano16-36, Ano16-40, Anol6-35,
Ano16-37, Anol16-41, Anol6i, Anol6j|.
Humming [WJ15a]. Opening [KKGHI16].
Percussive [TOKS14, TOS14]. Query
[yLsL14]. Unvoiced [KKGH16].
Perception [NNL15, SWZ16].
Perception-Based [NNL15]. Perceptual
[ISZA15, JSR16, MGT15, VDM15]. Perfect
[CCR16]. Performance

[DC16, HDG16, PCB14, PSL*16, SH14b,
SSKP16, WDD"16]. Performances
[LD16, NNS16, WED16]. Period
[HAGSZ16]. Periodicity [CH15].



Permutation [SDDCC15]. Personal
[GEC15]. Personality [SWZ16].
Personalization [NNL15]. Personalized
[yLSY*14, hShWsL15, WW15)].
Personalizing [GMFG16]. PES

[Anol6-48, Ano16-49]. Phase

[ARSA14, KBG16b, KG14, MK15b, MK15c,
Nonl4, SLY14, VM15]. Phase-Derived
[SLY14]. Phase-Uncertainty [KBG16b].
Phone [WSY14]. Phoneme

[CMY16, LHD16]. Phonetic

[CGL*15, CTSC14, CWJ15, CWJ16, ZP15).
Phonologically [KKK15].
Phonologically-Structured [KKK15].
Piano [CDW16, ES16, LD16, SBD16]. Pitch
[FWM*14a, FWM™*14b, GB14, HAGSZ16,
HW14, KAJC16, MTBB15, RDP14,
WAJL15, ZZN*16, DHP14]. Pitch-Based
[RDP14]. Pitch-Time [MTBB15]. Pitched
[Ziv15]. Pitman [Chilba, RV14].
Pitman-Yor [RV14]. Placement [KBV16].
Planar [CT14]. Planning [RLK14].
Playing [SLY14]. PLCA [AB15]. PLDA
[Cuml5, LM15, MPC16]. Plus [HOF15].
PNCC [KS16]. PNLMS [DC16]. Point
[XO16]. Pole [SD16b, SKH*15a].
Pole-Zero [SD16b]. Polyglot [CHWL14].
Polynomial [CC15, MJZ15, YSCZ15].
Polyphonic [AB14, AB15, KG16, MBTB14,
NR14b, ONKP16, SBD16, SY15]. POMDP
[GY14]. POMDP-Based [GY14]. Pooling
[SR16b]. POS [LZC*14]. Position

[Nonl4, TH16]. Position-Selective [TH16].
Positions [BA16]. Post [BBCT16].
Post-Editing [BBCT16]. Posterior
[CY15, Cuml5, CPL14]. Postfiltering
[CRVBT'15]. Postfilters [TTB'16].
Potential [MK15c]. Power

[Anol6u, Anol6v, CCl4b, GI15, KS16,
LKHU14, MIYO14, MPAEBLB15, SABI6,
SK15, TWSS16, WGD15, YLD15,
dICSVAGAPM15]. Power-Law [SAB16].
Power-Normalized

[KS16, AICSVAGAPM15]. Powered
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[SKH*15a]. Pre [NTA15]. Pre-Trained
[NTA15]. Precision [FNA15, RVB14].
Precompensation [DvWDM14].
Predicate [ZZ716]. Predicting
[AdHTJ16, JT16]. Prediction

[ARSA14, CPCBFSF16, GCvWMJ14, JT14,
JYWGD15, MJZ15, MAP14, MP16, NR14b,
SAB16, SF14, WYLZ16, YK14].
Prediction-Based [JvyWGD15]. Predictors
[GCJT14]. Presence

[DTC16, KGH'16, YND14]. Presentation
[RLK14]. Preservation

[HMDG15, MHD15, MHGD15, SBVM16].
Pressure [HF15]. Primary

[HTG14, HGT15a, HGT15h).
Primary-Ambient

[HTG14, HGT15a, HGT15b]. Prime
[SLC*15]. Principal [ITY16]. Priori
[CH15, SFK15]. Priors

[JvWGD15, LBR16, SLL*"16]. Probabilistic
[BCA15, CPL14, LBR16, TWSS16, WLL15b].
Probability [KGH'16]. Problem
[AKNT16, SDDCC15]. Process

[RV14, TP16, XO16]. Processed
[AdHTJ16]. Processes

[GY14, MIYO14, NNL15]. Processing
[Anol4-45, Anol4-54, Anol4-55, Anol4-56,
Anol4-47, Anol4-48, Anol4-49, Anol4-50,
Anol4-51, Anol4-52, Anol4-53, Anol4-33,
Anol4-34, Anol4-35, Anol4-36, Anol4-37,
Ano14-38, Ano14-39, Anol4-40, Anol4-41,
Anol4-42, Anol4-43, Anol4-44, Anol5-40,
Anol5-41, Anol5-42, Anol5-43, Anol5-44,
Anol5-45, Anol5-46, Anol5-47, Anol5-48,
Anol5-49, Ano15-30, Anol5-31, Anol5-32,
Ano15-33, Ano15-34, Anol5-35, Anol5-36,
Anol15-37, Anol5-38, Anol5-39, Anol6-27,
Anol6-28, Anol6w, Anol6x, Anol6y,
Anol6z, CT14, FWM*14a, FWM™14b,
LFH*15, MAB*16, OISO14, SM14,
SYWRK15, TM14, TR15, VS14, YND14,
Anol4-77, Anol4-66, Anol4-78, Anol4-67,
Anol4-79, Anol4-68, Anol4-80, Anol4-57,
Anol4-69, Anol4-46, Anol4-58, Anol4-70,



Anol4-59, Anol4-71, Anol4-60, Anol4-72,
Anol4-61, Anol4-73, Anol4-62, Anol4-74,
Anol4-63, Anol4-75, Ano14-64, Anol4-76].
Processing [Anol4-65, Anol4a, Anol5-50,
Anol5-51, Anol5-52, Anol5-53, Anol5-54,
Anol5-55, Anol5-56, Anol5-57, Anol5-58,
Anol5-59, Anol6k, Anol6l, Anol6-32,

Anol6-38, Anol16-33, Anol6-39, Anol6-29,
Ano16-30, Anol16-31, Ano16-34, Anol6-36,
Ano16-40, Anol16-35, Anol6-37, Anol6-41,
Anol6i, Anol6j]. Processor [YLD15].

Programming [SD16a]. Projection

[FLB16, ZN14]. Projection-Based [FLB16].

Projective [MAST15]. Pronunciation

[CJ15, HBF 16, QMS16, hShWsL15, WsL15].

Pronunciation-Based [HBF*16].
Propagation [TVJ15]. Properties [BS14].
Proportionate [LG16, ZN14, ZYG™114].
Prosody

[CHC*14, CWH*16, HWW16, OL15].
Prototype [yLSY'14]. Pruning [TZZ15b)].
PSD [KDJJ16]. Pseudo [GBH16].
Pseudo-Whisper [GBH16].
Pseudospectral [BS14]. Pseudospectrum
[MKA™14]. Psychological [WWLL14].
Psychophysical [YLD15]. publication
[Anol4-77, Anol4-78, Anol4-79, Anol4-80,
Anol4-69, Anol4-70, Anol4-71, Anol4-72,
Anol4-73, Anol4-74, Anol4-75, Anol4-76,
Anol5-50, Anol5-51, Anol5-52, Anol5-53,
Anol5-54, Anol5-55, Anol5-56, Anol5-57,
Anol5-58, Ano15-59, Anol6-38, Anol6-39,
Ano16-40, Anol16-41]. Publish

[Ano14-90, Ano14-91]. Pulses [PT14].
Purpose [GKC16]. Pursuit [WZS14].

Quad [SW16]. Quad-Based [SW16].
Quadratic [BSB14]. Quality

[Brel5, KA16, MGT15]. Quantization
[CJ15, MK16, WCY15]. Quasi [ARSA14].
Query [MAP14, WJ15a].
Query-by-Example [MAP14].
Query-by-Singing [WJ15a].
Query-by-Singing/Humming [WJ15a].
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Question [ZXHT16].

Radial [ATP16]. Radiance [BRD15].
Radius [JEP14]. Random

[yLsL14, PMMM15, SAK16, YLL15, ZH15).
Randomized [ZH14]. Rank [CJ15, HOF15,
PKA14, PCB16b, SLGZ15, SMVW14].
Rank-Based [PCB16b]. Ranking
[ZLLS16]. RANSAC [TS14]. Rapid
[VIN15]. Rate

[CLAG16, CHC* 14, JBTL15, LCWC16,
SH14b, SKH*15b, WD16, ZG16].
Rate-Controlled [LCWC16, CHC*T14].
Ratio [CC14b, SK15, WWW16]. Rational
[WTHJ14]. Ratios [CWW14]. Ray
[MAST15, MAB*16]. RBM [SP16]. Reach
[DRFO14]. Real [NNS16]. Real-Time
[NNS16]. Realistic [SP15]. Reality
[RG15b]. Reallocation [ZSTA16].
Receptive [CE15]. Recognition
[AHMJ*+14, AZK15, ACRS14, AZGN14,
BVGV15, BDV*14, BHS*16, CM15,
CLW*16, CB14, CL14b, DB15, DH14,
FLMS16, GFG*14, GI15, GBH16, HLL15,
HYT*15, HHC16, KGP14, KS16, sLGyLaC15,
LKHU14, LWZ*14, LDGHU14, LS14a,
LWZZ16, LH14, LS14b, LK16, LGR14,
MWT16, MK15a, MH16, MAK15, MKA16,
NW14, NXCL16, OHN16, PSL*16, QTY16,
QBTY16, RWF16, SAB16, SP16, SHDG16,
SSKP16, SKAK16, SAK16, SLW15, TD16,
TR14a, WS14, WW16, WWLL14, WYSD15,
XAHJ*14, ZF14, ZCDS15, ZJD*15].
Recognizing [YsL15]. Recommendation
[HPB15]. Reconstruction

[KFH'14, KG14]. Recording

[KFH'14, NHK16]. Recordings

[DM16, KG16, NCC15, TS16]. Recovery
[HLL15, PK15, SAA15] Rectangular
[DAMvW15]. Recurrent

[CLC*+15, CLW+16, HKHJIS15, LCW*16,
MDY*15, NTA15, SNS15]. Recursive
[DWX*16, DG15, SG14, hShWsL15].
Reduced [HL14, PCB16a].



Reduced-Order [PCB16a]. Reduction
[AM16, HBLC14, JTHN14, JBC16, KD16,
LPHCB14, MHD15, MHGD15, MBTB14,
NWM16, RBBG15, SM14, SGM*15,
SEM*14, SGH15b, SGH16, SMVW14,
SBVM16, TM16, TK14|. Reference
[JJB16]. References [SLOVBI15].
Reflection [MKA*14]. Reflections
[TP15, Terl6]. Regression

[DHSG15, DTDL16, GR14, HGAPB15,
LS14b, PMMM15, WS14, XDDL15].
Regression-Based [WS14].
Regularization

[DC16, LGTG16, RHvdP*16, ZWCT15)].
Regularized [BCB15]. Reinforcement
[CH14]. Related

[BKK15, LFH* 15, MBM15]. Relation
[LLWJ16]. Relationships [MVH16].
Relative [CB14, KMG15, SGH15b].
Relaxation [YLJ16]. Relaxed [LZHN14].
Relevance [LZ16, LCC*T15]. Remote
[SBVM16]. Reorganization [MBTB14].
Repeats [NNS16]. Representation
[AGW15, MBD*15, PKA14, SKH* 15b,
VML14, WVCL14, ZKA15, ZPP15].
Representation-Based [AGW15].
Representations

[CZZ15, CSAR+14, DSMD15, PHM* 16,
RG15a, SY15, YGV14, ZXH 16, vHK14)].
Representing [WLL15b]. Reproduction
[HGT15a, HGT15b, JSR16, JK15, KBV16,
KFH*14, SR14, SYWRK15, TZA14, VDM15,
ZA14]. Reranking [SKK14]|. Rescoring
[LCW+16]. Residual [RBBG15, WVCL14].
Resilient [YBC*14]. Resolution

[BP14, DTDL16, KKGH16, RARR15,
SKH*15b, TOS14]. Resource [Ano16-48,
Anol6-49, CM15, HLL15, HOF15, LGR14).
Resource-Limited [HLL15]. Resources
[DBM15]. Response [CCR16, TWSS16].
Responses

[BA16, KB14, MCD14, TP15, Terl6).
Restoration [DM16, KSK'15]. Restricted
[NTA15, NTM16]. Retrieval
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[ARSLN16, yLsL14, sLGyLaC15, PDS*16,
RRAM16, VML14, ZXH"16]. Reverberant
[AGBC14, JWLF14, LKHU14, ZWW14,
ZWW15|. Reverberation

[BRD15, HCJT15, KDJJ16, LBR16, LYN14,
NR14a, SH14a, SH14b|. Reverberator
[PCLP14]. Reverse [DM16]. Review
[MSRND14]. Reviewers

[Anol4-81, Anol15-70]. Rhythm

[GKC16, HS15, MFG15, RDP14].
Rhythm-Based [RDP14]. Rich

[SKK14, ZP15]. Riesz [AS15]. Risk [CY15].
RLS [CC15, ZN14]. RNN [NTA15]. Robot
[TR14b]. Robots [TR15]. Robust [AV16,
ATP15, BCB15, CBA*15, CCR16, GMH14,
GWGH14, GI15, GBH16, GCvWMJ14,
GB14, GJB15, HAGSZ16, HH14, HHCI6,
Y16, KGP14, KAJC16, KS16, LWZ 14,
LDGHU14, LS14a, LM15, LZHN14,
MPAEBLB15, MPC16, MZX+15, MAK15,
NW14, NXCL16, Non14, PCB16a, QTY16,
QBTY16, SH14a, SW16, SLW15, TD16,
TZZ+15a, TWSS16, TVJ15, TS16, WW16,
WED16, XNG+14, YGV14, YLY15, ZZH16,
ZBC14, ZWW14, dICSVAGAPM15, VZC14].
Robustness [HGT15¢, NW15, SK16a).
Role [DBM15]. Roles [YW14]. Rolling
[CDAT*14]. Room

[BA16, BHBS16, BS14, CCR16, DHCS15,
DAMvW15, EGMN16, FADARF16, KB14,
MCD14, SAPB15, SRH15, TZA14, TP15,
Terl6, YB14, vMM14]. Rule [ZP15)].

S1.11 [YLJ16]. Sample [Brel5]. Sampling
[BKK15, WD16]. Scalable [MK16, XO16].
Scale [CL14b, WCCT15]. Scale-Frequency
[WCC*15]. Scattering [DHCS15].
Scenario [ZWX15]. Scenarios

[HOF15, LH14]. Scene

[RG15a, Anol6-52, Anol6-53, Anol6-54,
Anol6-55, Anol6-56, Anol6-57]. Scenes
[LLR'16]. Scheme [BKK15]. Schemes
[FADARF16, vMM14]. Score [CJ15, DMI6,
HXWS15, KH16, LD16, NNS16].



Score-Aging [KH16]. Score-Informed
[DM16]. Scores [VMOL16]. Scoring
[CJ15, Cumlb]. Screams [SK16b]. Search
[HBF*16, OR16a, ZP15]. Secondary
[AKNT16, GLQ16, GAC14, WAS16].
Secondary-Path [GdC14]. Section
[LFHT15]. Segment [WLL™15a].
Segmental [MAP14]. Segmentation
[BSL15, BSL16, BD16, CMY16, DP16,
KJG16, NJC16b, TQW*15]. Segregation
[JWLF14]. Selection

[BY15, CHWL14, LAK16, XYH14, ZCF14].
Selective [TH16]. Self [HWRC15, SAA15].
Self-Localization [HWRC15].
Self-Recovery [SAA15]. Semantic
[AVK*+15, BM15, DBM15, FGQ* 15, HM14,
yLsL14, yLSY*+14, WTHJ14, YW14]. Semi
[LGTG16, LAK16, LS14b, ZB14].
Semi-Parametric [LS14b].

Semi-Supervised [LGTG16, LAK16, ZB14].

Semidefinite [SD16a]. Semisupervised
[LK16]. Senone [FLMS16]. Senone-Based
[FLMS16]. Sensing

[Chil5b, MCD14, WLL*16, WZS14].
Sensing-Based [WLL"16]. Sensitive
[CH16]. Sensor [CPSFC*14]. Sensors
[HF15]. Sentence

[CZG+15, MSFK15, PDS*16, TQW*15].
Sentences [HS15]. Sentiment

[CZGT15, LIXT16, TQW™'15]. Separable
[SZVZ16]. Separation [AV16, AJLW14,
AGBC14, BXY14, BV16, CWW14, CY16,
DM16, DTDL16, HL15, HKHJS15, ITY16,
JSYW16, JVR16, KSK*15, KOS*16,
KBGAP+16, LBR16, NW14, NW15, NV14,
NLV16, OTY 14, RDP14, SOF15, SKDN14,
SLOVBI15, TOKS14, TOS14, TS14,
WWD14, WNW14, WRC16, WWW16,
YLL15, ZW16b, ZZN*16, Ziv15, ZPP15).
Sequences [BCA15, CCR16]. Sequential
[FMD14, GLC*14]. Session [LH14]. Set
[RARR15, TD16, WSY14, ZH15]. Sets

[MKA16]. Severe [SAB16]. Shift [SKSD14].

Shifting [HGT15b]. Short
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[HCJT15, LWZZ16, PDS*16]. Short-Term
[PDS*16]. Short-Time [HCJT15]. Show
[DAFS15]. Signal

[Ano14-33, Anol4-34, Ano14-35, Anol4-36,
Anol4-37, Anol4-38, Anol4-39, Anol14-40,
Anol4-41, Anol4-42, Anol4-43, Anol4-44,
Anol5-30, Anol15-31, Anol5-32, Anol5-33,
Anol5-34, Anol5-35, Anol5-36, Anol5-37,
Anol15-38, Anol5-39, Anol6-27, Anol6-28,
Anol6w, Anol6x, Anol6y, Anol6z, CWW14,
DMVP16, EJ16, KSK*T15, PCW15,
RMBK14, SBVM16, VS14, VDM15].
Signal-Dependent [DMVP16].
Signal-to-Noise [CWW14]. Signals
[BP14, CT14, HTG14, MP16, NWMIS6,
NR14b, TOS14, TZZ+15a, VM15, WAS14,
XNRG15, ZG16, Zivls, vHK14]. SII
[HCJT15]. Similar [MWT16]. Similarities
[PHM*16]. Similarity [BA16, BM15,
FMD14, FDK15, yLsL14, OR16a].
Simplified [GLQ16]. Simulating [LLR*16].
Simulation

[BHBS16, CFMM14, Hell4, vMM14].
Simulations [DAMvW15, SYWRK15].
Simultaneous [TK14]. Singer [HL15].
Singing [CWJ16, DAR16, HL15, ITY16,
KG16, MTBB15, TOS14]. Singing/
Humming [WJ15a]. Single

[AY15, BXY14, DAFS15, DTDL16, KG14,
MK15b, MK15¢, PSL*16, SGM*15, Ter16,
WWD14, WYSD15, YLL15, ZPP15].
Single- [DAFS15]. Single-Channel
[BXY14, DTDL16, KG14, MK15b, MK15c,
PSL*16, SGM*15, WWD14, WYSDI15,
ZPP15]. Single-Microphone [YLL15].
SiPTH [MTBB15]. Size

[Brel5, CClda, TM16, ZZH16]. Skips
[NNS16]. Slavic [ZP15]. Sliding [ZN14].
Sliding-Window [ZN14]. Slot [MDY™*15)].
Small [Brel5, CWH'16, TD16].
Smoothing [HWW16]. Smoothness
[TOKS14]. SMT [ARSLN16]. Snapshot
[Ter16]. SNR [CH15, HBLC14, KK14,
LM15, MK15b, SFK15, SLGZ15].



SNR-Invariant [LM15]. Society
[Ano14-33, Anol14-34, Ano14-35, Anol4-36,
Anol4-37, Anol14-38, Anol4-39, Anol14-40,
Anol4-41, Anol4-42, Anol4-43, Anol4-44,
Anol5-30, Anol15-31, Anol5-32, Anol5-33,
Anol5-34, Anol15-35, Anol5-36, Anol5-37,
Anol5-38, Anol15-39, Anol6u, Anol6v,
Anol6-27, Anol6-28, Anol6w, Anol6x,
Anol6y, Anol6z]. Solution [PCB15].
Solutions [WW15]. Solving [SDDCC15].
Some [ZP15]. Song [DHYG14]. Songs
[FDK15]. Sound [APH14, CPSFC™14,
DHP14, EJ16, KBV16, LLR*16, LGTG16,
MBM15, MAB*16, MZX 15, NV14, NHK16,
OR16b, OTY*14, RBR16, SSKP16, TOKS14,
TOS14, TH14, TH16, VDM15, WAS16,
ZA14, Anol6-52, Anol6-53, Anol6-54,
Anol6-55, Anol16-56, Ano16-57]. Soundfield
[JK15, MAST15, TZA14]. Sounds
[CDAT14]. Source

[AV16, APH14, AJLW14, ATP16, AB14,
AB15, CBA*15, CY16, HKHJS15, JSYW16,
JVR16, KOS™16, KMG15, LGTG16, LBR16,
NV14, NLV16, OIY ™14, PCB14, SOF15,
SLL*16, SLOVB15, TS14, TWSS16, TE16,
WWD14, WRC16, WHRC16, ZH15, ZPP15].
Source-Specific [SLLT16]. Sources
[AKBT16, DHSG15, DG15, LWZ*114,
MAB*16, NHK16, OTY*+14, PHK16, WAS16].
Space [BDL15, CL14a, FGQ'15, LFH'15,
MAST15, MAB*16, MFG15, MBD*15,
WZL*15, WSH15]. Span [JBC16]. Sparse
[AKB+16, AGW15, CDW16, CSAR* 14,
CT14, DBK15, HL.14, HOF15, JSYW16,
JK15, JyWGD15, KKK15, LG16, PKA14,
SLY14, SLGZ15, WAS14, WVCL14, YGV14,
ZF14]. Sparsity

[AGBC14, Bayl5, JYB*15, ONKP16].
Spatial [ATP16, DMVP16, FLB16,
HGT15a, HGT15b, KMG15, NV14, RKN14,
TZA14, TH14, TH16, TTH14, VDM15].
Spatially [ATP15]. Spatio [JCBJ15].
Spatio-Temporal [JCBJ15]. Speaker
[CBG15, CL14b, DAFS15, FMB16, HH14,
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HGAPB15, JJB16, KH16, LM15, LWZZ16,
LCWC16, LH14, MPC16, MZM15, MSD14,
PBQ15, SH14a, SAB16, SG14, SKAK16,
SAK16, TCY15, TMH*14, VMOL16,
WDD'16, YB14, ZCY16, ZWW14, ZWW15,
VZC14]. Speaker-Adaptive [HGAPB15].
Speakers [NR14a]. Speaking

[CHC*14, JBTL15, LCWC16, TMHT14].
Special [Ano16-50, Anol6-51, Anol6-52,
Anol16-53, Anol16-54, Ano16-55, Anol6-56,
Ano16-57, LFH'15]. Specific [SLLT16].
Specification [YLJ16]. Spectra

[SLY14, SKH*15a]. Spectral

[Bay15, BS14, GKC16, HWW 15, KBG16b,
LKHU14, LS14a, MAT15, NWM16, PK15,
SH14a, SY15, SKH*15b, WLL*+15a, WGD15].
Spectro [MD16, NXCL16, SGA15, vHK14].
Spectro-Temporal

[MD16, NXCL16, SGA15, vHK14].
Spectrogram [KSK*15]. Spectrograms
[AS15, BV16, DSMD15, MIYO14, TOKS14,
TOS14]. Spectrum

[HGT15a, HHC16, MPAEBLB15, SKH" 154,
TTB*16, VM15, XNRG15].
Spectrum-Based [XNRG15]. Speech
[AHMJ*14, AZK15, AGW15, AdHTJ16,
AY15, Anol4-45, Anol4-77, Anol4-54,
Anol4-66, Anol4-78, Anol4-55, Anol4-67,
Anol4-79, Anol4-56, Anol4-68, Anol14-80,
Anol4-57, Anol4-69, Anol4-46, Anol4-58,
Ano14-70, Ano14-47, Ano14-59, Anol4-T1,
Anol14-48, Anol4-60, Anol4-72, Anol4-49,
Anol4-61, Anol4-73, Anol4-50, Anol4-62,
Anol4-74, Anol4-51, Anol4-63, Anol4-75,
Anol4-52, Anol4-64, Anol4-76, Anol4-53,
Anol4-65, Anol4a, Anol5-40, Anol5-50,
Anol5-41, Anol5-51, Anol5-42, Anol5-52,
Anol5-43, Anol5-53, Anol5-44, Anol5-54,
Anol5-45, Anol5-55, Anol5-46, Anol5-56,
Anol5-47, Anol5-57, Anol5-48, Anol5-58,
Anol5-49, Anol15-59, Anol6k, Anol6l,
Anol6-32, Anol6-38, Anol6-33, Anol6-39,
Ano16-29, Anol16-30, Anol6-31, Anol6-34,
Anol6-36, Anol16-40, Anol6-35, Anol6-37,



Anol6-41, Anol6i, Anol6j, AS15, ACRS14,
AGBC14, AZGN14, BVGV15, BXY14].
Speech [BHS'16, BD16, CE15, CLAG16,
CWW14, CHC*+14, CHWL14, CRVB™ 15,
CM15, CH15, CWH*16, CLW+16, CMY 16,
CH14, DP16, DBK15, DTL15, DB15,
DTN+14, DH14, DTDL16, EZS14, GFG*+14,
GI15, GBH16, GCJ*+14, GIB15, HW14,
HWWT15, HLL15, HCJT15, HS15, HYI'15,
HM14, HHC16, ISZA15, JP14, JVR16, JT14,
JT16, JWLF14, JWWGD15, KGP14, KK14,
KKK15, KS16, KGH* 16, KKGH16, KBG16a,
KBG16b, KG14, KDJJ16, sLGyLaC15,
LC16a, LKHU14, LWZ* 14, LDGHU14,
LS14a, LWZZ16, LS14b, LCC*15, LK16,
LGR14, LSH14, MWT16, MPAEBLB15,
MJZ15, MK15a, MH16, MSD14, MD16,
MAT15, MDM15, MAK15, MKA16, MK15b,
MK15c, NW14, NW15, NXCL16, NJC16a,
NJC16b, Nos16, OHN16, OWA15, PSL*16,
PK15, PHM*16, QTY16, QBTY16, RKL14,
RWF16, RKN14, SP16, SDDCC15, SAA15,
SM14, SGH15b, SGH15a, SGH16, SKSD14].
Speech

[SR14, SKDN14, SLW15, SLGZ15, SZVZ16,
TM14, TTB*+16, TJCB16, TK14, TR14a,
TE16, VM15, WWD14, WS14, WNW14,
WCC+H15, WLL*16, WW16, WTHJ14,
WYSD15, WJ15b, WWW16, WHLG14,
WZS14, WK16, XDDL15, XAHJ*14,
YBC+14, YK14, YB14, YLL15, YGV14,
7CF14, ZH14, ZF14, ZCDS15, ZW16b,
7ZG16, ZZN*16, ZID* 15, ZSIA16, VZC14).
Speech-in-Noise [ZSIA16]. Sphere
[BKK15]. Spherical

[AR16, ATP16, DMVP16, EJ16, Hacl4,
JTHN14, JSR16, JEP14, NR14a, SR14,
SYWRK15, TP15, Terl6, ZKA15]. Spiking
[CLAG16]. Spoken [Anol6-50, Anol6-51,
FLMS16, HS15, yLsL14, yLSY 14,
sLGyLaC15, MAP14, MDY*15, WWLL14].
Spontaneous [WJ15b, WHLG14].
Spoofing [WDD*16]. Spotforming [TH16].
Spotting [WTHJ14, WJ15b]. Spread
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[HGT15¢c, XNRG15]. Square [JT15, ZZH16].
Squares [LZHN14, SOF15, SD16b]. SR
[LCWC16]. SR-HPM [LCWC16]. SRMR
[SF14]. SRRank [YW14]. Stable [GCJ*14].
Stacked [WK16]. Stacking [ZZN'116].
Stage [SGM™15, SK16b, TOS14]. State
[LB16, MSRND14, WHLG14, WLL15b,
YSCZ15, ZJD*T15]. State-Based
[WHLG14]. State-Clustering [ZJD*15].
Stationary [BP14, DBK15, LSH14,
MPAEBLB15, NJC16a]. Statistical
[AKN'16, BY15, Brel5, CRVB*15, GJB15,
KBG16a, MHPB15, MSD14, RLK14,
TTB*+16, TZZ15b, WZL+15, XZW15,
ZLLS16]. Statistically [EZS14]. Statistics
[NJC16a, OL15, TS14]. Steerable [WC16a].
Steered [TWSS16]. Steganography
[AGW15]. Step

[CC14a, CC14b, TM16, ZZH16]. Step-Size
[CC14a, TM16, ZZH16]. Stereo

[AJLW14, CHJ14, HTG14, NCC15].
Stereo-Input [CHJ14]. STFT [KG14].
Stochastic [WLL15b]. Stream [AZK15].
Streaming [DHP14]. Streamlined [PT14].
Streams [XO016]. Strings [SAK16]. Strong
[OWA15]. Structure

[KHCW15, TP16, ZZZ16]. Structured
[AGBC14, KKK15]. Structuring
[yLSYT14]. Student [ISZA15]. Studio
[ES16]. Study [CWW14, CEMM14,
FLMS16, HF15, PCB14, SKSD14]. Style
[GKC16, WWLL14, VZC14]. Sub

[CL14a, RARR15]. Sub-Set [RARR15].
Sub-Space [CL14a]. Subband

[FZZ*15, GLQ16, KGHT16, SM14].
Subbands [MBM15]. Subglottal [MVH]16].
Subharmonic [ITY16]. Subjected [TM14].
Subjective [Brel5, PCLP14]. Subspace
[GR14, LM15, LGR14, ONKP16].
Subtraction [KMG15]. Subtree [SKK14].
Subword [HBF*16]. Sum

[CPSFC*14, ZH14]. Summarization
[CLC*15, GLC*14, LOC*15, RRAM16,
WYHT15, YW14, ZZ716]. Summarizing



[BSL16, HNY*15]. Summation [ITY16].
Super [CY15, McL14]. Super-Audible
[McL14]. Super-Gaussian [CY15].
Superdirective [BCB15, CT14, PCB16a].
Supergaussian [RBBG15].
Superpositional [TG16]. Supertags
[ODSM16]. Supervised

[GFG+14, LGTG16, LAK16, SK16b,
WNW14, WsL15, YLL15, ZB14]. Support
[CL14b]. Suppression [TZZ*15a]. Surface
[MVH16]. Surnames [ZP15]. Sustained
[LD16]. Switched [YsL15]. Switching
[AVK 15, WSY14, WSH15]. Syllable
[CGL*15, WHLG14]. Syllable-Context
[CGL*15]. Symbolic [OL15].
synchronization [XNG'14]. Syntactic
[AVK*15, XWZ16]. Synthesis

[BRD15, CHWL14, CRVB*15, CWH* 16,
CDA*14, DHCS15, MSD14, MDM15, Nos16,
OR16b, TTB*16, WAS16, WHLG14, WK16].
Synthesizing [RHvdPT16]. Synthetic
[ARSLN16, EZS14]. System

[yLSY*+14, LAK16, LG16, MGT15, ODG16,
RBR16, SGM™15, SBVM16]. Systematic
[YLJ16]. Systems [AZGN14, CE14, CB14,
LC16b, MSFK15, MMMDL™* 14, MSD14,
RLK14, WLL15b, XWZ16, YLJ16].

Tablature [MFG15]. Table

[Anol14-92, Ano14-93, Ano14-94, Anol14-95,
Anol4-96, Anol14-97, Ano14-98, Ano14-99,
Ano14-100, Anol14-101, Anol4-102,
Anol4-103, Anol4-104, Anol4-105,
Anol4-106, Anol4-107, Anol4-108,
Anol4-109, Anol4-110, Anol4-111,
Anol4-112, Anol4-113, Anol4-114, Anol5-75,
Anol5-76, Anol5-77, Anol5-78, Anol5-79,
Ano15-80, Ano15-81, Anol5-82, Anol5-83,
Anol5-84, Anol15-85, Anol5-86, Anol5-87,
Anol5-88, Anol15-89, Anol5-90, Anol5-91,
Anol15-92, Anol5-93, Anol6-58, Anol6-59,
Anol6-60, Anol6-61, Anol16-62, Anol6-63,
Anol6-64, Anol6-65, Anol6-66, Anol6-67,
Anol6-68, Anol6-69, Anol6-70, Anol6-71,

24

Anol6-72, Anol6-73, Anol6-74, Anol6-75].
Tagging [LZC'14]. Taking [SWZ16]. Talk
[GCvWMJ14]. Talker [WYSD15, YLL15].
Tangential [HF15]. Tap [CC14a].
Tap-Length [CCl4a]. Tapped [HL14].
Target [FZZ115, ZWX15]. Targets
[WNW14]. Task [FOBP15, WYH*15].
Task-Oriented [WYHT15]. Tasks

[DB15, PM15, RRAM16]. TDAC [CRH*14].
Teager [ISZA15, KPH15]. Technical
[DRFO14]. Technique

[CC14b, ODG16, SLY14]. Techniques
[CLC*T15, HWW16, RG15b]. technology
[Anol14-115, Anol4-116]. Telephone
[SKSD14]. Tempo [GKC16, PT14].
Temporal

[HS15, JCBJ15, LB16, MD16, NTA15,
NXCL16, SGA15, SY15, SWZ16, vHK14].
Temporally [LS14b]. Tensor

[BV16, MH16]. Term

[MAP14, NR14b, PDS*16, YB14]. Test
[NR14a]. Tests [Brel5]. Text

[CMY16, sLGyLaC15, SKAK16, SAK16,
WDD™16, ZP15]. Text-Dependent
[SKAK16, SAK16]. Text-Independent
[CMY16, WDD*16]. Textual [BM15].
Texture [OR16b]. Their

[PHM ™16, SH14b, TR14a]. Theoretic
[FDK15]. Theoretical [AZGN14, Hacl4,
HMDG15, HF15, MHGD15, PCB15, TR14b).
Theoretically [JT15]. Theory

[JSR16, JK15, WZS14]. Three [ZA14].
Thresholding [ISZA15]. Throat [TE16].
Throat-Microphone [TE16]. Timbre
[ARW™16]. Time [APH14, AM16, BP14,
BHBS16, GEC15, HGT15b, HCJT15,
HGT15¢, KB14, KBGAP+16, MAP14,
MTBBI15, NNS16, RG15a, SH14b, TZZ*15a,
WZS14, ZSTA16, ZH15]. Time-Delay
[APH14]. Time-domain [WZS14].
Time-Frequency [AM16, BP14, TZZ"15a).
Time-Shifting [HGT15b]. Time-Spread
[HGT15¢|. Time-Varying [KBGAP'16].
Together [Ano14-115, Ano14-116]. Topic



[LIX*16, WTHJ14, XZW15]. Topic-Based
[XZW15]. Topics [GLCT14]. Total
[MBD*15, SLL*16]. Tracking
[HAGSZ16, HW14, SG14, TCY15, TS14,
YSCZ15, ZDG14, ZCY16, ZH15). Tract
[SMH14]. Tradeoff [JTHN14, JSR16].
Traditional [DSMD15]. Trained
[NTA15, ZF14]. Training [CLLD14,
CLW+16, CH16, CL14b, DH14, HXWS15,
LAK16, MZM15, NTM16, NW15, QTY16,
QMS16, hShWsL15, TQY16, WNW14,
WW16, WJ15b, WK16, XWZ16, VZC14].

Trait [SWZ16]. Trajectory [LS14b, WK16].

Transactions

[Anol4-45, Anol4-77, Anol4-54, Anol4-66,
Anol4-78, Anol4-55, Anol4-67, Anol4-79,
Anol4-56, Anol4-68, Anol4-80, Anol4-57,
Anol4-69, Anol4-46, Anol4-58, Anol4-70,
Anol4-47, Anol4-59, Anol4-71, Anol4-48,
Anol14-60, Anol4-72, Anol4-49, Anol4-61,
Anol4-73, Anol4-50, Anol4-62, Anol4-74,
Anol4-51, Anol4-63, Anol4-75, Anol4-52,
Anol4-64, Anol4-76, Anol4-53, Anol4-65,
Anol4a, Anol5-40, Anol5-50, Anol5-41,
Anol5-51, Anol5-42, Anol5-52, Anol5-43,
Anol5-53, Anol5-44, Anol5-54, Anol5-45,
Anol5-55, Anol5-46, Anol5-56, Anol5-47,
Anol5-57, Anol5-48, Anol15-58, Anol5-49,
Anol15-59, Anol6k, Anol6l, Anol6-32,
Anol16-38, Anol6-33, Anol6-39, Anol6-29,
Anol16-30, Ano16-31, Anol6-34, Anol6-36,
Anol16-40, Anol6-35, Anol6-37, Anol6-41,

Anol6i, Anol6j, Anol6g, Anol6h, DRFO14].

Transcription [CDW16, ES16, KG16,
MTBB15, ONKP16, SBD16]. Transcripts
[BSL16]. Transducers [MHBT15].
Transfer

[BRD15, BKK15, HMDG15, KMG15,

MBM15, MD16, SAPB15, SGH15b, SMH14].

Transform

[AS15, DTL15, NXCL16, OWA15].
Transformation [WHLG14].
Transformations [CTSC14, CG16].
Transient [WAS14]. Transients [DTC16].
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Transition [ODSM16]. Transition-Based
[ODSM16]. Translation [BBC*16, BY15,
MHPBI15, TZZ15b, WZL* 15, XWZ16,
XZW15, ZZ716, ZLLS16, ZXH*16].
Transmission [L.C16a]. Transplantation
[CBG15]. Tree [DG15, HNY*15].
Tree-Based [DG15]. Trellis [MK16].
Trellis-Based [MK16]. Trending
[GLC*14]. Trimming [HNY*15]. TTS
[CHC*14, LOWC16]. Tunisian [GJB15].
Turbo [RWF16]. Turn [SWZ16)].
Turn-Taking [SWZ16]. TV [PBQ15].
Twitter [GLCT14]. Two

[CC14b, LCW+16, QMS16, SGM*15, SK16b,
TOS14, WHRC16]. Two-Pass [QMS16].
Two-Stage [SGM'15, SK16b, TOS14].
Two-Step [CC14b]. Type [OHN16].

Ultra [YLD15]. Ultra-Low [YLD15].
Unambiguous [RKN14]. Uncertainties
[RLPK15]. Uncertainty

[KGP14, KBG16b, RLK14, TVJ15].
Uncorrelating [OWA15].
Underdetermined [CY15].
Understanding

[(CSID16, GIB15, MDY+15, SHD14].
Unfrequent [MWT16]. Uniform

[ATP16, PCB16a, WJ15b]. Unifying
[KOS*16]. Unique [PBC16|. Unit
[LWZZ16, SHDG16, SLR16]. Units
[HBF'16]. Unscented [TCY15]. Unseen
[SZVZ16]. Unsegmented [MHBT15].
Unsupervised

[KJG16, LIX+16, MP16, PBQ15, SP16,
SR16b, SLR16, WsL15, XYH14].
Unsynchronized [TS16]. Updating [SF14].
Urban [SK16b]. Use

[ARSLN16, DB15, SHDG16, CPL14]. Used
[BS14, GEC15]. User [HM14, WWD14].
User-Generated [WWD14]. Users [SF14].
Using

[ATP15, AS15, AB15, CCR16, CE15, CHJ14,
CHWL14, CLLD14, CWH*16, DC16, DP16,
DvWDM14, DHSG15, DAFS15, DBMI5,



DTC15, ES16, FWM*14a, FWM™14b,
FOBP15, FZZ 115, FDK15, FNA15, GMH14,
HAGSZ16, HGT15a, HBF*16, HL15,
HWW16, HGAPB15, JSYW16, JTHN14,
JYB*15, JWLF14, JK15, KJG16, KKK15,
KHCW15, LWZ*14, LS14a, LCW*16,
MJZ15, MZX*15, MDY *15, MZM15,
MCD14, MSD14, MD16, MBTB14, MAT15,
MK16, MK15b, MJJ+14, NTA15, NTMI6,
NXCL16, NCC15, NNL15, ODG16, PDS*16,
PCB16b, RG15b, RRAM16, SAB16, SP16,
SOF15, SAP14, SG14, SGH15b, SGH15a,
SLGA15, SYWRK15, SLL*16, SFK15,
SLOVB15, SMH14, SLGZ15, SZVZ16,
TZA14, TH14, TP15, TR15, VM15, VDM15,
WAS14, WWD14, WGD15, WCCT15,
WRC16, WHRC16, WJ15b, WAS16, WSY14,
WHLGI14, WSH15, WAJL15, WKI16,
XYH14, YB14, YGV14, ZP15]. Using
[ZZN+16, DH14, LZHN14, MAP14, NR14a,
ZA14]. Utterance [LWZZ16]. Utterances
[HYI*15].

Valence [WYLZ16]. Valence-Arousal
[WYLZ16]. Valued [HHC16]. Variability
[MBD*15, SLL*16, VMOL16]. Variable
[CC14a, CC15, JBC16, NCC15, RBR16,
SLW15, ZG16, ZZH16]. Variable-order
[NCC15]. Variance [Nos16, WCCT15].
Variational [AV16, KBGAPT16, SEMT14].
Varying [KBGAPT16, 1.S14b]. Vector
[AJLW14, BHST16, CL14b, FGQ™15,
KOS+16, MPC16, NCC15, WCY15, XYH14,
CL14a, CPL14]. Vectors [MZM15].
Verification [HH14, KH16, LM15, MPC16,
VMOL16, WCCT15, WDD™16]. Versus
[SSKP16]. Very

[CLAG16, HW14, QBTY16]. Via
[DTDL16, LLWJ16, SLGZ15, CT14,
DHCS15, HS15, HHC16, NW15, PKA14,
SM14, ZH14, 27716, ZXH*16]. Video
[ROL*15]. View [GLC*14]. Violin
[PCW15]. Virtual [MGT15]. Visual
[AZK15, DTC15]. Vocabulary [DB15].
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Vocal

[CWJ15, ITY16, MVH16, SAB16, SMH14].
Vocoding [CGL*15]. Voice

[ATA16, CLLD14, CC14b, DAR16, DTC15,
DTC16, HL15, ITY16, KYT+15, McL14,
NTA15, NTM16, OR16a, PM15, TOS14,
WVCL14, WHLG14, YLY15, ZW16a].
Voiced

[JP14, KKGH16, KG14, NJC16a, NJC16b].
Voiced/Unvoiced [KKGH16]. Voices
[OR16a]. Vol [Anol4al. Voltage [SLGA15].
Volterra [MJJ*14]. Volume

[ATP16, BHBS16]. Vowel [CWJ16]. VTS
[DH14].

Walk [yLsL14]. Warped [SKH*15b].
Warping [KB14, MAP14]. Watermarking
[FM15, HGT15¢, SAAL5, XNG*14,
XNRG15]. Wave [KFH'14, SK16a].
Wavefield [SAP14]. Waveguide [SMH14].
Wavelet [AGW15, FZZ115, ISZA15].
Weight [BDV 14, LS14b]. Weighted
[ARSA14, DMVP16, WYLZ16].
Weighted-Orthogonal [DMVP16].
Weighting [JJB16, JBTL15, SH14a).
Weights [AZK15]. Whisper [GBH16].
Whispered [GBH16]. Wideband

[HL14, SLCT15]. Wiener

[MHD15, MHGD15, SMVW14]. Window
[ZN14]. Wireless [CPSFC'14]. Wise
[CLLD14]. With-Height [KFH*14].
Without [GLQ16]. Word [CPCBFSF16,
CSJD16, CBCL15, KJG16, MWT16].
Word-Pair [CBCL15]. Words [WYLZ16].
Worst [WC16a]. Worst-Case [WC16a).
Written [PBQ15].

x [FADARF16, CC14al.
Yor [Chil5a, RV14].

Zero [SD16b).



REFERENCES

References

[AB14]

[AB15]

[ACRS14]

Arora:2014:MSC

V. Arora and L. Be-
hera. Musical source
clustering and identifica-
tion in polyphonic audio.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 22
(6):1003-1012, June 2014.
CODEN 77?77 ISSN 2329-
9290.

Arora:2015:MFE

V. Arora and L. Be-
hera. Multiple FO estima-
tion and source clustering
of polyphonic music au-
dio using PLCA and HM-
RFs. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
23(2):278-287, February
2015. CODEN 7777 ISSN
2329-9290.

Arisoy:2014:CNN

E. Arisoy, S. F. Chen,
B. Ramabhadran, and
A. Sethy. Converting
neural network language
models into back-off lan-
guage models for effi-
cient decoding in au-
tomatic speech recogni-
tion. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
22(1):184-192, January
2014. CODEN 7777 ISSN
2329-9290.

[AdHTJ16]

[AGBC14]

[AGW15]

[AHMJ*14]

27

Andersen:2016:PIN

Asger Heidemann Ander-
sen, Jan Mark de Haan,
Zheng-Hua Tan, and Jes-
per Jensen. Predicting
the intelligibility of noisy
and nonlinearly processed
binaural speech. IFEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 24(11):
1908-1920, 7777  2016.
CODEN 7777 ISSN 2329-
9290.

Asaei:2014:SSM

A. Asaei, M. Golbabaee,
H. Bourlard, and V. Cevher.]
Structured sparsity mod-
els for reverberant speech
separation. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 22(3):620—
633, March 2014. CODEN
7777 ISSN 2329-9290.

Ahani:2015:SRB

S. Ahani, S. Ghaem-
maghami, and Z. J. Wang.
A sparse representation-
based wavelet domain
speech steganography method.|
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(1):80-91, January 2015.
CODEN 7777 ISSN 2329-
9290.

Abdel-Hamid:2014:CNN

O. Abdel-Hamid, A.-R.
Mohamed, Hui Jiang,



REFERENCES

[AJLW14]

Li Deng, G. Penn, and
Dong Yu. Convolutional
neural networks for speech
recognition. IFEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 22(10):1533~
1545, October 2014. CO-
DEN 7777  ISSN 2329-
9290.

Alinaghi:2014:JMV

A. Alinaghi, P. J. Jackson,
Qingju Liu, and Wenwu
Wang. Joint mixing vector
and binaural model based
stereo source separation.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 22
(9):1434-1448, September
2014. CODEN 7777 ISSN
2329-9290.

Adalbjornsson:2016:SLH

[AKB*16]

[AKN*16]

[AM16]

S. 1. Adalbjornsson, T. Kro-| [Anol4a]

nvall, S. Burgess, K. As-
trom, and A. Jakobs-

son. Sparse localiza-
tion of harmonic au-
dio sources. IEEE/

ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 24(1):
117-129, January 2016.
CODEN 7777 ISSN 2329-
9290.

Ardekani:2016:SIP

I. T. Ardekani, J. P. Kai-
pio, A. Nasiri, H. Shar-
ifzadeh, and W. H. Ab-
dulla. A statistical inverse
problem approach to on-

[Anol4b]

28

line secondary path mod-
eling in active noise con-
trol. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Process-
ing, 24(1):54-64, January
2016. CODEN 77?7? ISSN
2329-9290.

Andersen:2016:ATF

Kristian Timm Andersen
and Marc Moonen. Adap-
tive time-frequency anal-
ysis for mnoise reduction
in an audio filter bank
with low delay. IEFEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 24(4):
784-795, April 2016. CO-
DEN 7777  ISSN 2329-
9290.

Anonymous:2014:1TA

Anonymous. 2014 index
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing vol.
22. IFEE/ACM Trans-
actions on Audio, Speech,
and Language Process-
ing, 22(12):2264-2288,
December 2014. CODEN
7777 ISSN 2329-9290.

Anonymous:2014:BPa

Anonymous. [blank page].
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 22
(1):B287-B288, January
2014. CODEN 77?7? ISSN
2329-9290.



REFERENCES

[Anol4c]

[Anol4d]

[Anolde]

[Anol4f]

[Anol4g]

Anonymous:2014:BPc

Anonymous. [blank page].
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 22
(3):B740, March 2014.
CODEN 7777 ISSN 2329-
9290.

Anonymous:2014:BPd

Anonymous. Blank
page. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
22(5):B997-B998,  May
2014. CODEN 7777 ISSN
2329-9290.

Anonymous:2014:BPe

Anonymous. [blank page].
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 22
(7):B1219-B1220,  July
2014. CODEN 7777 ISSN
2329-9290.

Anonymous:2014:BPf

Anonymous. [blank
page|. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Process-
ing, 22(9):B1449-B1450,
September 2014. CODEN
7777 ISSN 2329-9290.

Anonymous:2014:BPg

Anonymous. [blank
page|. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Process-
ing, 22(11):B1681-B1682,
November 2014. CODEN
7777 ISSN 2329-9290.

[Anol4h]

[Anol4i]

[Anol4j)

[Anol4k]

[Anol4]]

29

Anonymous:2014:BPh

Anonymous. [blank page].
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 22
(12):B1686, December
2014. CODEN 7?77?77 ISSN
2329-9290.

Anonymous:2014:BPBa

Anonymous. [blank page
— Dback cover]. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 22(1):
C4, January 2014. CO-
DEN 7777  ISSN 2329-
9290.

Anonymous:2014:BPBb

Anonymous. [blank page
— back cover|. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 22(2):
C4, February 2014. CO-
DEN 7777  ISSN 2329-
9290.

Anonymous:2014:BPBc

Anonymous. [blank page
— back cover|. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 22(3):
C4, March 2014. CODEN
7777 ISSN 2329-9290.

Anonymous:2014:BPBd

Anonymous. [blank page
— Dback cover]. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 22(4):



REFERENCES

C4, April 2014. CODEN
2777 ISSN 2329-9290.

Anonymous:2014:BPBe

[Anol4m] Anonymous. [blank page
— Dback cover|. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 22(5):
C4, May 2014. CODEN
7777 ISSN 2329-9290.

Anonymous:2014:BPBf

[Anoldn] Anonymous. [blank page
— Dback cover|. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 22(6):
C4, June 2014. CODEN
7777 ISSN 2329-9290.

Anonymous:2014:BPBg

[Anol4o] Anonymous. [blank page
— back cover|. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 22(7):
C4, July 2014. CODEN
7777 ISSN 2329-9290.

Anonymous:2014:BPBh

[Anol4p] Anonymous. [blank page
— back cover|. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 22(8):
C4, August 2014. CO-
DEN 77?7  ISSN 2329-
9290.

Anonymous:2014:BPBi

[Anoldq) Anonymous. [blank page
— Dback cover|. IEEE/
ACM  Transactions on

[Anol4r]

[Anolds]

[Anol4t]

[Anol4uy]

30

Audio, Speech, and Lan-
guage Processing, 22(9):
C4, September 2014. CO-
DEN 77?7  ISSN 2329-
9290.

Anonymous:2014:BPBj

Anonymous. [blank page
— Dback cover]. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 22(10):
C4, October 2014. CO-
DEN 7777  ISSN 2329-
9290.

Anonymous:2014:BPBk

Anonymous. [blank page
— Dback cover|. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 22(11):
C4, November 2014. CO-
DEN 7777  ISSN 2329-
9290.

Anonymous:2014:BPBI

Anonymous. [blank page
— Dback cover|. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 22(12):
C4, December 2014. CO-
DEN 7777  ISSN 2329-
9290.

Anonymous:2014:FCa

Anonymous. Front cover.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 22
(1):C1, January 2014.
CODEN 7777 ISSN 2329-
9290.



REFERENCES

[Anol4v)

[Anoldw]

[Anol4x]

[Anoldy]

[Anol4z)]

Anonymous:2014:FCb

Anonymous. Front cover.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 22
(2):C1, February 2014.
CODEN 7777 ISSN 2329-
9290.

Anonymous:2014:FCc

Anonymous. [front cover].
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 22
(3):C1, March 2014. CO-
DEN 7777  ISSN 2329-
9290.

Anonymous:2014:FCd

Anonymous. [front cover].
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 22
(4):C1, April 2014. CO-
DEN 7777  ISSN 2329-
9290.

Anonymous:2014:FCe

Anonymous. [front cover].
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 22
(5):C1, May 2014. CO-
DEN 7777  ISSN 2329-
9290.

Anonymous:2014:FCf

Anonymous. [front cover].
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 22
(6):C1, June 2014. CO-
DEN 77?77  ISSN 2329-
9290.

[Ano14-27]

[Ano14-28]

[Ano14-29]

[Ano14-30]

[Ano14-31]

31

Anonymous:2014:FCg

Anonymous. [front cover].
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 22
(7):C1, July 2014. CO-
DEN 7777  ISSN 2329-
9290.

Anonymous:2014:FCh

Anonymous. [front cover].
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 22
(8):C1, August 2014. CO-
DEN 7777  ISSN 2329-
9290.

Anonymous:2014:FCi

Anonymous. Front cover.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 22
(9):C1, September 2014.
CODEN 7777 ISSN 2329-
9290.

Anonymous:2014:FCj

Anonymous. Front cover.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 22
(10):C1, October 2014.
CODEN 7777 ISSN 2329-
9290.

Anonymous:2014:FCk

Anonymous. Front cover.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 22
(11):C1, November 2014.
CODEN 7777 ISSN 2329-
9290.



REFERENCES

[Ano14-32]

[Ano14-33]

[Ano14-34]

[Anol4-35]

[Ano14-36]

Anonymous:2014:FCl1

Anonymous. Front cover.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 22
(12):C1, December 2014.
CODEN 7777 ISSN 2329-
9290.

Anonymous:2014:ISPa

Anonymous. IEEE Sig-
nal Processing Society in-
formation. IFEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 22(1):C3, Jan-
uary 2014. CODEN 7777
ISSN 2329-9290.

Anonymous:2014:ISPb

Anonymous. IEEE Sig-
nal Processing Society
information. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 22(2):
C3, February 2014. CO-
DEN 7777  ISSN 2329-
9290.

Anonymous:2014:ISPc

Anonymous. IEEE Sig-
nal Processing Society
information. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 22(3):
C3, March 2014. CODEN
7777 ISSN 2329-9290.

Anonymous:2014:ISPd

Anonymous. IEEE Sig-
nal Processing Society

[Ano14-37]

[Ano14-38]

[Ano14-39]

[Ano14-40]

32

information. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 22(4):
C3, April 2014. CODEN
7777 ISSN 2329-9290.

Anonymous:2014:ISPe

Anonymous. IEEE Sig-
nal Processing Society in-
formation. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 22(5):C3, May
2014. CODEN 7777 ISSN
2329-9290.

Anonymous:2014:ISPf

Anonymous. IEEE Sig-
nal Processing Society
information. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 22(6):
C3, June 2014. CODEN
7777 ISSN 2329-9290.

Anonymous:2014:1SPg

Anonymous. IEEE Sig-
nal Processing Society in-
formation. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 22(7):C3, July
2014. CODEN 77?7? ISSN
2329-9290.

Anonymous:2014:ISPh

Anonymous. IEEE Sig-
nal Processing Society in-
formation. IEEE/ACM
Transactions on Audio,
Speech, and Language



REFERENCES

[Anol4-41]

[Anol4-42]

[Ano14-43]

[Anol4-44]

Processing, 22(8):C3, Au-
gust 2014. CODEN 777?
ISSN 2329-9290.

Anonymous:2014:ISPi

Anonymous. IEEE Sig-
nal Processing Society
information. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 22(9):
C3, September 2014. CO-
DEN 7777  ISSN 2329-
9290.

Anonymous:2014:ISPj

Anonymous. IEEE Sig-
nal Processing Society in-
formation. IFEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 22(10):C3,
October 2014. CODEN
7777 ISSN 2329-9290.

Anonymous:2014:ISPk

Anonymous. IEEE Sig-
nal Processing Society in-
formation. IFEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 22(11):C3,
November 2014. CODEN
7777 ISSN 2329-9290.

Anonymous:2014:ISP1

Anonymous. IEEE Sig-
nal Processing Society in-
formation. IEFEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 22(12):C3,
December 2014. CODEN
7777 ISSN 2329-9290.

[Anol4-45]

[Ano14-46]

[Ano14-47]

[Anol14-48]

33

Anonymous:2014:TATa

Anonymous. TEEE/ACM
Transactions on Audio,
Speech, and Language
Processing — EDICS.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 22
(1):289-290, January 2014.]
CODEN 7777 ISSN 2329-
9290.

Anonymous:2014:TATd

Anonymous. TEEE/ACM
Transactions on Audio,
Speech, and Language
Processing — EDICS.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 22
(2):576-577, February
2014. CODEN ?777? ISSN
2329-9290.

Anonymous:2014:TIATg

Anonymous. IEEE/
ACM Transactions on Au-
dio, Speech, and Lan-
guage Processing EDICS.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 22
(3):741-742, March 2014.
CODEN 7777 ISSN 2329-
9290.

Anonymous:2014:IATj

Anonymous. IEEE/
ACM Transactions on Au-
dio, Speech, and Lan-
guage Processing EDICS.
IEEE/ACM Transactions
on Audio, Speech, and



REFERENCES

[Ano14-49]

[Ano14-50]

[Anol4-51]

[Anol4-52]

Language Processing, 22
(4):863-864, April 2014.
CODEN 7777 ISSN 2329-
9290.

Anonymous:2014:TATm

Anonymous. IEEE/
ACM Transactions on Au-
dio, Speech, and Lan-

guage Processing EDICS.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 22
(5):999-1000, May 2014.
CODEN 77?77 ISSN 2329-
9290.

Anonymous:2014:TATp

Anonymous. IEEE/
ACM Transactions on Au-
dio, Speech, and Lan-

guage Processing EDICS.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 22
(6):1109-1110, June 2014.
CODEN 7777 ISSN 2329-
9290.

Anonymous:2014:IATs

Anonymous. IEEE/
ACM Transactions on Au-
dio, Speech, and Lan-

guage Processing EDICS.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 22
(7):1221-1222; July 2014.
CODEN 7777 ISSN 2329-
9290.

Anonymous:2014:IATv

Anonymous. IEEE/
ACM Transactions on Au-

[Anol4-53]

[Anol4-54]

[Anol4-55]

34

dio, Speech, and Lan-
guage Processing EDICS.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 22
(8):1336-1337,  August
2014. CODEN 77?7? ISSN
2329-9290.

Anonymous:2014:IATy

Anonymous. IEEE/
ACM Transactions on Au-
dio, Speech, and Lan-

guage Processing EDICS.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 22
(9):1451-1452, September
2014. CODEN 777? ISSN
2329-9290.

Anonymous:2014:IATab

Anonymous. IEEE/
ACM Transactions on Au-
dio, Speech, and Lan-

guage Processing EDICS.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 22
(10):1571-1572, October
2014. CODEN 7777 ISSN
2329-9290.

Anonymous:2014:1ATae

Anonymous. IEEE/
ACM Transactions on Au-
dio, Speech, and Lan-

guage Processing EDICS.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 22
(11):1683-1684, Novem-
ber 2014. CODEN 7777
ISSN 2329-9290.



REFERENCES

[Anol4-56]

[Anol4-57]

[Anol4-58]

[Ano14-59]

Anonymous:2014:IATah

Anonymous. IEEE/
ACM Transactions on Au-
dio, Speech, and Lan-

guage Processing EDICS.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 22
(12):2260-2261, Decem-
ber 2014. CODEN 7777
ISSN 2329-9290.

Anonymous:2014:IATb

Anonymous. IEEE/
ACM Transactions on Au-
dio, Speech, and Lan-

guage Processing informa-
tion for authors. IEFE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 22(1):
291-292, January 2014.
CODEN 7777 ISSN 2329-
9290.

Anonymous:2014:TATe

Anonymous. IEEE/
ACM Transactions on Au-
dio, Speech, and Lan-

guage Processing informa-
tion for authors. IEFE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 22(2):
578-579, February 2014.
CODEN 77?77 ISSN 2329-
9290.

Anonymous:2014:IATh

Anonymous. IEEE/
ACM Transactions on Au-
dio, Speech, and Lan-

guage Processing informa-

[Ano14-60]

[Anol4-61]

[Anol4-62]

35

tion for authors. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 22(3):
743-744, March 2014.
CODEN 777? ISSN 2329-
9290.

Anonymous:2014:TIATk

Anonymous. IEEE/
ACM Transactions on Au-
dio, Speech, and Lan-

guage Processing informa-
tion for authors. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 22(4):
865—866, April 2014. CO-
DEN 7777  ISSN 2329-
9290.

Anonymous:2014:TATn

Anonymous. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing information for
authors. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing,  22(5):1001—
1002, May 2014. CODEN
7777 ISSN 2329-9290.

Anonymous:2014:IATq

Anonymous. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing information for
authors. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing,  22(6):1111-
1112, June 2014. CODEN
7777 ISSN 2329-9290.



REFERENCES

[Ano14-63]

[Anol4-64]

[Ano14-65]

[Anol4-66]

Anonymous:2014:TATt

Anonymous. TEEE/ACM
Transactions on Audio,
Speech, and Language
Processing information for
authors.

Transactions
Speech, and Language
Processing,  22(7):1223-
1224, July 2014. CODEN
7777 ISSN 2329-9290.

on Audio,

Anonymous:2014:IATw

Anonymous. TEEE/ACM
Transactions on Audio,
Speech, and Language
Processing information for
authors.
Transactions
Speech, and Language
Processing,  22(8):1338—
1339, August 2014. CO-
DEN 7777  ISSN 2329-
9290.

on Audio,

Anonymous:2014:1ATz

Anonymous. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing information for
authors.
Transactions on Audio,
Speech, and Language
Processing,  22(9):1453—
1454, September 2014.
CODEN 7777 ISSN 2329-
9290.

Anonymous:2014:I1ATac

Anonymous. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing information for

IEEE/ACM

IEEE/ACM

IEEE/ACM

[Anol4-67]

[Ano14-68]

[Ano14-69]

36

authors. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 22(10):1573—
1574, October 2014. CO-
DEN 7777  ISSN 2329-
9290.

Anonymous:2014:IATaf

Anonymous. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing information for
authors. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 22(11):1685—
1686, November 2014.
CODEN 7777 ISSN 2329-
9290.

Anonymous:2014:1ATai

Anonymous. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing information for
authors. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 22(12):2262—
2263, December 2014.
CODEN 7777 ISSN 2329-
9290.

Anonymous:2014:TATc

Anonymous. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing publication in-
formation. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 22(1):C2, Jan-



REFERENCES

[Anol4-70]

[Anol4-71]

[Anol4-72]

[Anol4-73]

uary 2014. CODEN 7777
ISSN 2329-9290.

Anonymous:2014:IATf

Anonymous. IEEE/
ACM Transactions on Au-
dio, Speech, and Lan-

guage Processing publica-
tion information. IEFE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 22(2):
C2, February 2014. CO-
DEN 7777  ISSN 2329-
9290.

Anonymous:2014:IATi

Anonymous. IEEE/
ACM Transactions on Au-
dio, Speech, and Lan-

guage Processing publica-
tion information. IEFE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 22(3):
C2, March 2014. CODEN
7777 ISSN 2329-9290.

Anonymous:2014:1ATI

Anonymous. IEEE/
ACM Transactions on Au-
dio, Speech, and Lan-

guage Processing publica-
tion information. IEFE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 22(4):
C2, April 2014. CODEN
7777 ISSN 2329-9290.

Anonymous:2014:1ATo

Anonymous. IEEE/ACM
Transactions on Audio,
Speech, and Language

[Anol4-74]

[Ano14-75]

[Anol4-76]

37

Processing publication in-
formation. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 22(5):C2, May
2014. CODEN 77?7? ISSN
2329-9290.

Anonymous:2014:TATr

Anonymous. IEEE/
ACM Transactions on Au-
dio, Speech, and Lan-

guage Processing publica-
tion information. IFEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 22(6):
C2, June 2014. CODEN
7777 ISSN 2329-9290.

Anonymous:2014:IATu

Anonymous. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing publication in-
formation. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 22(7):C2, July
2014. CODEN 777? ISSN
2329-9290.

Anonymous:2014:TATx

Anonymous. TEEE/ACM
Transactions on Audio,
Speech, and Language
Processing publication in-
formation. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 22(8):C2, Au-
gust 2014. CODEN 7777
ISSN 2329-9290.



REFERENCES

[Anol4-77]

[Ano14-78]

[Anol4-79]

[Ano14-80]

Anonymous:2014:IATaa

Anonymous. IEEE/
ACM Transactions on Au-
dio, Speech, and Lan-

guage Processing publica-
tion information. IEFE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 22(9):
C2, September 2014. CO-
DEN 7777  ISSN 2329-
9290.

Anonymous:2014:TATad

Anonymous. IEEE/
ACM Transactions on Au-
dio, Speech, and Lan-

guage Processing publica-
tion information. IEFE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 22(10):
C2, October 2014. CO-
DEN 7777  ISSN 2329-
9290.

Anonymous:2014:I1ATag

Anonymous. IEEE/
ACM Transactions on Au-
dio, Speech, and Lan-

guage Processing publica-
tion information. IEFE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 22(11):
C2, November 2014. CO-
DEN 7777  ISSN 2329-
9290.

Anonymous:2014:1ATaj

Anonymous. IEEE/
ACM Transactions on Au-
dio, Speech, and Lan-

[Ano14-81]

[Ano14-82]

[Ano14-83]

[Ano14-84]

38

guage Processing publica-
tion information. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 22(12):
C2, December 2014. CO-
DEN 7777  ISSN 2329-
9290.

Anonymous:2014:LR

Anonymous. List of re-
viewers. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 22(12):2257—
2259, December 2014.
CODEN 777? ISSN 2329-
9290.

Anonymous:2014:0Aa

Anonymous. Open ac-
cess. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
22(1):293, January 2014.
CODEN 7777 ISSN 2329-
9290.

Anonymous:2014:0OAb

Anonymous.  Open ac-
cess. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
22(2):580, February 2014.
CODEN 7777 ISSN 2329-
9290.

Anonymous:2014:0OAc

Anonymous. Open access.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 22
(3):745, March 2014. CO-



REFERENCES

[Anol4-85]

[Ano14-86]

[Ano14-87]

[Anol4-88]

[Anol4-89]

DEN 7777
9290.

ISSN 2329-

Anonymous:2014:0Ad

Anonymous. Open access.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 22
(4):867, April 2014. CO-
DEN 7777  ISSN 2329-
9290.

Anonymous:2014:0Ae

Anonymous. Open access.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 22
(7):1225, July 2014. CO-
DEN 7777  ISSN 2329-
9290.

Anonymous:2014:0Af

Anonymous. Open ac-
cess. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
22(8):1340, August 2014.
CODEN 7777 ISSN 2329-
9290.

Anonymous:2014:0Ag

Anonymous. Open access.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 22
(9):1455, September 2014.
CODEN 7777 ISSN 2329-
9290.

Anonymous:2014:0OAh

Anonymous. Open access.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 22

[Ano14-90]

[Ano14-91]

[Ano14-92]

[Ano14-93]

[Ano14-94]

39

(10):1575, October 2014.
CODEN 7777 ISSN 2329-
9290.

Anonymous:2014:PYAa

Anonymous. Publish your
article in IEEE Access.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 22
(3):746, March 2014. CO-
DEN 7777  ISSN 2329-
9290.

Anonymous:2014:PYAb

Anonymous. Publish your
article in IEEE Access.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 22
(4):868, April 2014. CO-
DEN 7777  ISSN 2329-
9290.

Anonymous:2014:TCa

Anonymous. Table of con-
tents. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
22(1):1-2, January 2014.
CODEN 7777 ISSN 2329-
9290.

Anonymous:2014:TCb

Anonymous. Table of con-
tents. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
22(1):3-4, January 2014.
CODEN 777? ISSN 2329-
9290.

Anonymous:2014:TCc

Anonymous. Table of con-
tents. IEEE/ACM Trans-



REFERENCES

[Ano14-95]

[Ano14-96]

[Ano14-97]

[Ano14-98]

[Ano14-99]

actions on Audio, Speech,
and Language Processing,
22(2):289-290, February
2014. CODEN 7777 ISSN
2329-9290.

Anonymous:2014:TCd

Anonymous. Table of con-
tents. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
22(2):291-292, February
2014. CODEN 7777 ISSN
2329-9290.

Anonymous:2014:TCe

Anonymous. Table of con-
tents. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Process-
ing, 22(3):581-582, March
2014. CODEN 7777 ISSN
2329-9290.

Anonymous:2014:TCf

Anonymous. Table of con-
tents. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Process-
ing, 22(3):583-584, March
2014. CODEN ?77?7? ISSN
2329-9290.

Anonymous:2014:TCg

Anonymous. Table of con-
tents. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
22(4):741-742, April 2014.
CODEN 7777 ISSN 2329-
9290.

Anonymous:2014:TCh

Anonymous. Table of con-
tents. IEEE/ACM Trans-

[Ano14-100]

[Ano14-101]

[Ano14-102]

[Ano14-103]

[Ano14-104]

40

actions on Audio, Speech,
and Language Processing,
22(4):743-744, April 2014.
CODEN 7777 ISSN 2329-
9290.

Anonymous:2014:TCi

Anonymous. Table of con-
tents. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
22(5):869-870, May 2014.
CODEN 7777 ISSN 2329-
9290.

Anonymous:2014:TCj

Anonymous. Table of con-
tents. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
22(5):871-872, May 2014.
CODEN 7777 ISSN 2329-
9290.

Anonymous:2014:TCk

Anonymous. Table of con-
tents. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Process-
ing, 22(6):999-1000, June
2014. CODEN 7777 ISSN
2329-9290.

Anonymous:2014:TCl1

Anonymous. Table of
contents. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing,  22(6):1001—
1002, June 2014. CODEN
7777 ISSN 2329-9290.

Anonymous:2014:TCm

Anonymous. Table of con-
tents. IEEE/ACM Trans-



REFERENCES

[Ano14-105]

[Ano14-106]

[Ano14-107]

[Ano14-108]

[Ano14-109]

actions on Audio, Speech,
and Language Process-
ing, 22(7):1113-1114, July
2014. CODEN 7777 ISSN
2329-9290.

Anonymous:2014:TCn

Anonymous. Table of con-
tents. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Process-
ing, 22(7):1115-1116, July
2014. CODEN 7777 ISSN
2329-9290.

Anonymous:2014:TCo

Anonymous. Table of con-
tents. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
22(8):1221-1222, August
2014. CODEN 7?77?77 ISSN
2329-9290.

Anonymous:2014:TCp

Anonymous. Table of con-
tents. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
22(8):1223-1224, August
2014. CODEN 7?77?77 ISSN
2329-9290.

Anonymous:2014:TCq

Anonymous. Table of con-
tents. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
22(9):1341-1342, Septem-
ber 2014. CODEN 7777
ISSN 2329-9290.

Anonymous:2014:TCr

Anonymous. Table of con-
tents. IEEE/ACM Trans-

[Ano14-110]

[Anol4-111]

[Ano14-112]

[Anol14-113]

[Anol4-114]

41

actions on Audio, Speech,
and Language Processing,
22(9):1343-1344, Septem-
ber 2014. CODEN 7777
ISSN 2329-9290.

Anonymous:2014:TCs

Anonymous. Table of con-
tents. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
22(10):1451-1452, Octo-
ber 2014. CODEN 7777
ISSN 2329-9290.

Anonymous:2014:TCt

Anonymous. Table of con-
tents. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
22(10):1453-1454, Octo-
ber 2014. CODEN 7777
ISSN 2329-9290.

Anonymous:2014:TCu

Anonymous. Table of con-
tents. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Process-
ing, 22(11):1577-1578,
November 2014. CODEN
7777 ISSN 2329-9290.

Anonymous:2014:TCv

Anonymous. Table of con-
tents. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Process-
ing, 22(11):1579-1580,
November 2014. CODEN
7777 ISSN 2329-9290.

Anonymous:2014:TCw

Anonymous. Table of con-
tents. IEEE/ACM Trans-



REFERENCES

[Ano14-115]

[Ano14-116]

[Anolba]

[Anol5b]

actions on Audio, Speech,
and Language Process-
ng, 22(12):1683-1685,
December 2014. CODEN
7777 ISSN 2329-9290.

Anonymous:2014:TWAa

Anonymous. Together, we
are advancing technology.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 22
(9):1456, September 2014.
CODEN 7777 ISSN 2329-
9290.

Anonymous:2014:TWAD

Anonymous. Together, we
are advancing technology.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 22
(10):1576, October 2014.
CODEN 7777 ISSN 2329-
9290.

Anonymous:2015:BPa

Anonymous. [blank page].
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(1):222, January 2015.
CODEN 77?7?7 ISSN 2329-
9290.

Anonymous:2015:BPc

Anonymous. Blank page.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(3):B600, March 2015.
CODEN 7777 ISSN 2329-
9290.

[Anol5c]

[Anol5d]

[Anolb5e]

[Anol5f]

[Anolbg]

42

Anonymous:2015:BPd

Anonymous. Blank page.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(3):C4, March 2015. CO-
DEN 7777  ISSN 2329-
9290.

Anonymous:2015:BPe

Anonymous. Blank page.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(4):C4, April 2015. CO-
DEN 7777  ISSN 2329-
9290.

Anonymous:2015:BPf

Anonymous. Blank
page. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
23(5):B951-B952,  May
2015. CODEN 7777 ISSN
2329-9290.

Anonymous:2015:BPg

Anonymous. Blank page.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(5):C4, May 2015. CO-
DEN 7777  ISSN 2329-
9290.

Anonymous:2015:BPh

Anonymous. Blank page.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(6):C4, June 2015. CO-
DEN 7777  ISSN 2329-
9290.



REFERENCES

[Anol5h]

[Ano15i]

[Anol5j)

[Anol5k]

[Anol5]]

Anonymous:2015:BPi

Anonymous. Blank page.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(7):B1243-B1244,  July
2015. CODEN 7777 ISSN
2329-9290.

Anonymous:2015:BPj

Anonymous. Blank page.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(7):C4, July 2015. CO-
DEN 7777  ISSN 2329-
9290.

Anonymous:2015:BPk

Anonymous. Blank page.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(8):C4, August 2015. CO-

DEN 77?77  ISSN 2329-
9290.
Anonymous:2015:BP1
Anonymous. Blank

page. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Process-
ing, 23(9):B1533-B1534,
September 2015. CODEN
7777 ISSN 2329-9290.

Anonymous:2015:BPm

Anonymous. Blank page.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(9):C4, September 2015.
CODEN 7777 ISSN 2329-
9290.

[Anol5m]

[Anol5n]

[Anol50]

[Anol5p]

[Anol5q)

43

Anonymous:2015:BPn

Anonymous. Blank page.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(10):C4, October 2015.
CODEN 7777 ISSN 2329-
9290.

Anonymous:2015:BPBa

Anonymous. [blank page
— Dback cover|. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 23(1):
C4, January 2015. CO-
DEN 7777  ISSN 2329-
9290.

Anonymous:2015:BPBb

Anonymous. [blank page
— Dback cover]. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 23(2):
C4, February 2015. CO-
DEN 7777  ISSN 2329-
9290.

Anonymous:2015:FCa

Anonymous. [front cover].
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(1):C1, January 2015.
CODEN 777? ISSN 2329-
9290.

Anonymous:2015:FCb

Anonymous. [front cover].
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23



REFERENCES

[Anolbr]

[Anol5s]

[Anol5t]

[Anol5u]

[Anol5v]

(2):C1, February 2015.
CODEN ?777? ISSN 2329-
9290.

Anonymous:2015:FCc

Anonymous. Front cover.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(3):C1, March 2015. CO-
DEN 7777  ISSN 2329-
9290.

Anonymous:2015:FCd

Anonymous. Front cover.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(4):C1, April 2015. CO-
DEN 7777  ISSN 2329-
9290.

Anonymous:2015:FCe

Anonymous. [front cover].
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(5):C1, May 2015. CO-
DEN 7777 ISSN 2329-
9290.

Anonymous:2015:FCf

Anonymous. [front cover].
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(6):C1, June 2015. CO-
DEN 7777 ISSN 2329-
9290.

Anonymous:2015:FCg

Anonymous. Front cover.
IEEE/ACM Transactions
on Audio, Speech, and

[Anol5w]

[Anol5x]

[Anolby]

[Anol5z]

[Ano15-27]

44

Language Processing, 23
(7):C1, July 2015. CO-
DEN 77?7 ISSN 2329-
9290.

Anonymous:2015:FCh

Anonymous. Front cover.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(8):C1, August 2015. CO-
DEN 7777  ISSN 2329-
9290.

Anonymous:2015:FCi

Anonymous. Front cover.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(9):C1, September 2015.
CODEN 7777 ISSN 2329-
9290.

Anonymous:2015:FCj

Anonymous. Front cover.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(10):C1, October 2015.
CODEN 7777 ISSN 2329-
9290.

Anonymous:2015:HCYa

Anonymous. How can you
get your idea to market
first? IEEE/ACM Trans-
actions on Audio, Speech,
and Language Process-
ing, 23(9):1539, Septem-
ber 2015. CODEN 7777
ISSN 2329-9290.

Anonymous:2015:HCYb

Anonymous. How can you
get your idea to market



REFERENCES

[Ano15-28]

[Ano15-29]

[Ano15-30]

[Anol5-31]

first? IEEE/ACM Trans-
actions on Audio, Speech,
and Language Process-
ing, 23(10):1708, October
2015. CODEN 77?77 ISSN
2329-9290.

Anonymous:2015:IMDa

Anonymous. IEEE mem-
ber digital library. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 23(3):
606, March 2015. CODEN
7777 ISSN 2329-9290.

Anonymous:2015:IMDb

Anonymous. IEEE mem-
ber digital library. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 23(4):
812, April 2015. CODEN
7777 ISSN 2329-9290.

Anonymous:2015:ISPa

Anonymous. IEEE Sig-
nal Processing Society in-
formation. IFEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 23(1):C3, Jan-
uary 2015. CODEN 7777
ISSN 2329-9290.

Anonymous:2015:ISPb

Anonymous. IEEE Sig-
nal Processing Society
information. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 23(2):
C3, February 2015. CO-

[Anol5-32]

[Ano15-33]

[Anol5-34]

[Ano15-35]

45

DEN 7777
9290.

ISSN 2329-

Anonymous:2015:ISPc

Anonymous. IEEE Sig-
nal Processing Society
information. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 23(3):
C3, March 2015. CODEN
7777 ISSN 2329-9290.

Anonymous:2015:I1SPd

Anonymous. IEEE Sig-
nal Processing Society
information. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 23(4):
C3, April 2015. CODEN
7777 ISSN 2329-9290.

Anonymous:2015:ISPe

Anonymous. IEEE Sig-
nal Processing Society in-
formation. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 23(5):C3, May
2015. CODEN 7777 ISSN
2329-9290.

Anonymous:2015:ISPf

Anonymous. IEEE Sig-
nal Processing Society
information. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 23(6):
C3, June 2015. CODEN
7777 ISSN 2329-9290.



REFERENCES

[Anol5-36]

[Ano15-37]

[Ano15-38]

[Ano15-39]

[Ano15-40]

Anonymous:2015:ISPg

Anonymous. IEEE Sig-
nal Processing Society in-
formation. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 23(7):C3, July
2015. CODEN 7777 ISSN
2329-9290.

Anonymous:2015:ISPh

Anonymous. IEEE Sig-
nal Processing Society in-
formation. IEFEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 23(8):C3, Au-
gust 2015. CODEN 7777
ISSN 2329-9290.

Anonymous:2015:ISPi

Anonymous. IEEE Sig-
nal Processing Society
information. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 23(9):
C3, September 2015. CO-
DEN 7?7?77  ISSN 2329-
9290.

Anonymous:2015:ISPj

Anonymous. IEEE Sig-
nal Processing Society in-
formation. IFEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 23(10):C3,
October 2015. CODEN
7777 ISSN 2329-9290.

Anonymous:2015:IATa

Anonymous. IEEE/
ACM Transactions on Au-

[Ano15-41]

[Anol5-42]

[Anol5-43]

46

dio, Speech, and Lan-
guage Processing EDICS.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(1):223-224, January 2015.]
CODEN 7777 ISSN 2329-
9290.

Anonymous:2015:IATc

Anonymous. IEEE/
ACM Transactions on Au-
dio, Speech, and Lan-

guage Processing EDICS.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(2):420-421, February
2015. CODEN 777? ISSN
2329-9290.

Anonymous:2015:1ATe

Anonymous. IEEE/
ACM Transactions on Au-
dio, Speech, and Lan-

guage Processing EDICS.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(3):601-602, March 2015.
CODEN 777? ISSN 2329-
9290.

Anonymous:2015:IATg

Anonymous. IEEE/
ACM Transactions on Au-
dio, Speech, and Lan-

guage Processing EDICS.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(4):807-808, April 2015.
CODEN 7777 ISSN 2329-
9290.



REFERENCES

[Anol5-44]

[Anol5-45]

[Ano15-46]

[Anol5-47]

Anonymous:2015:IATi

Anonymous. IEEE/
ACM Transactions on Au-
dio, Speech, and Lan-

guage Processing EDICS.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(5):953-954, May 2015.
CODEN 7777 ISSN 2329-
9290.

Anonymous:2015:IATk

Anonymous. IEEE/
ACM Transactions on Au-
dio, Speech, and Lan-

guage Processing EDICS.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(6):1096-1097, June 2015.
CODEN 7777 ISSN 2329-
9290.

Anonymous:2015:TATm

Anonymous. IEEE/
ACM Transactions on Au-
dio, Speech, and Lan-

guage Processing EDICS.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(7):1245-1246, July 2015.
CODEN 7777 ISSN 2329-
9290.

Anonymous:2015:IATo

Anonymous. IEEE/
ACM Transactions on Au-
dio, Speech, and Lan-

guage Processing EDICS.
IEEE/ACM Transactions
on Audio, Speech, and

[Anol5-48]

[Ano15-49]

[Ano15-50]

[Anol5-51]

47

Language Processing, 23
(8):1381-1382,  August
2015. CODEN 77?7? ISSN
2329-9290.

Anonymous:2015:IATq

Anonymous. IEEE/
ACM Transactions on Au-
dio, Speech, and Lan-

guage Processing EDICS.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(9):1535-1536, September
2015. CODEN 7777 ISSN
2329-9290.

Anonymous:2015:1ATs

Anonymous. IEEE/
ACM Transactions on Au-
dio, Speech, and Lan-

guage Processing EDICS.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(10):1704-1705, October
2015. CODEN 7777 ISSN
2329-9290.

Anonymous:2015:IATb

Anonymous. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing publication in-
formation. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 23(1):C2, Jan-
uary 2015. CODEN 7777
ISSN 2329-9290.

Anonymous:2015:IATd

Anonymous. IEEE/
ACM Transactions on Au-



REFERENCES

[Anol5-52]

[Anol5-53]

[Anol5-54]

dio, Speech, and Lan-
guage Processing publica-
tion information. IEFE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 23(2):
C2, February 2015. CO-
DEN 7777  ISSN 2329-
9290.

Anonymous:2015:IATf

Anonymous. IEEE/
ACM Transactions on Au-
dio, Speech, and Lan-

guage Processing publica-
tion information. IEFE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 23(3):
C2, March 2015. CODEN
7777 ISSN 2329-9290.

Anonymous:2015:IATh

Anonymous. IEEE/
ACM Transactions on Au-
dio, Speech, and Lan-

guage Processing publica-
tion information. IEFE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 23(4):
C2, April 2015. CODEN
7777 ISSN 2329-9290.

Anonymous:2015:IAT]j

Anonymous. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing publication in-
formation. IFEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 23(5):C2, May

[Ano15-55]

[Anol5-56]

[Anol5-57]

[Ano15-58]

48

2015. CODEN 7777 ISSN
2329-9290.

Anonymous:2015:TATI

Anonymous. IEEE/
ACM Transactions on Au-
dio, Speech, and Lan-

guage Processing publica-
tion information. IFEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 23(6):
C2, June 2015. CODEN
7777 ISSN 2329-9290.

Anonymous:2015:IATn

Anonymous. TEEE/ACM
Transactions on Audio,
Speech, and Language
Processing publication in-
formation. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 23(7):C2, July
2015. CODEN ?777? ISSN
2329-9290.

Anonymous:2015:IATp

Anonymous. TEEE/ACM
Transactions on Audio,
Speech, and Language
Processing publication in-
formation. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 23(8):C2, Au-
gust 2015. CODEN 7777
ISSN 2329-9290.

Anonymous:2015:IATr

Anonymous. IEEE/
ACM Transactions on Au-
dio, Speech, and Lan-

guage Processing publica-



REFERENCES

[Ano15-59]

[Ano15-60]

[Anol5-61]

[Anol5-62]

tion information. IEFE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 23(9):
C2, September 2015. CO-
DEN 7777  ISSN 2329-
9290.

Anonymous:2015:TIATt

Anonymous. IEEE/
ACM Transactions on Au-
dio, Speech, and Lan-

guage Processing publica-
tion information. IEFE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 23(10):
C2, October 2015. CO-
DEN 7777  ISSN 2329-
9290.

Anonymous:2015:TAa

Anonymous. Informa-
tion for authors. IEFE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 23(1):
225-226, January 2015.
CODEN 7777 ISSN 2329-
9290.

Anonymous:2015:IAb

Anonymous. Informa-
tion for authors. IEFE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 23(2):
422423, February 2015.
CODEN 7777 ISSN 2329-
9290.

Anonymous:2015:IAc

Informa-

IEEE/

Anonymous.
tion for authors.

[Ano15-63]

[Anol5-64]

[Anol5-65]

[Ano15-66]

49

ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 23(3):
603-604, March 2015.
CODEN 777? ISSN 2329-
9290.

Anonymous:2015:TIAd

Anonymous. Informa-
tion for authors. IFEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 23(4):
809-810, April 2015. CO-
DEN 7777  ISSN 2329-
9290.

Anonymous:2015:TAe

Anonymous. Informa-
tion for authors. IFEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 23(5):
955-956, May 2015. CO-
DEN 7777  ISSN 2329-
9290.

Anonymous:2015:TAf

Anonymous. Informa-
tion for authors. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 23(6):
1098-1099, June 2015.
CODEN 7777 ISSN 2329-
9290.

Anonymous:2015:TAg

Anonymous. Information
for authors. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing,  23(7):1247—



REFERENCES

[Ano15-67]

[Ano15-68]

[Ano15-69]

[Ano15-70]

1248, July 2015. CODEN
7777 ISSN 2329-9290.

Anonymous:2015:IAh

Anonymous. Informa-
tion for authors. IEFE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 23(8):
1383-1384, August 2015.
CODEN 7777 ISSN 2329-
9290.

Anonymous:2015:TAi

Anonymous. Information
for authors. IFEE/ACM
Transactions on Audio,
Speech, and Language
Processing,  23(9):1537—
1538, September 2015.
CODEN 7777 ISSN 2329-
9290.

Anonymous:2015:1Aj

Anonymous. Informa-
tion for authors. IEFE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 23(10):
1706-1707, October 2015.
CODEN 77?77 ISSN 2329-
9290.

Anonymous:2015:LR

Anonymous. List of re-
viewers. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 23(12):2474—
2476, December 2015.
CODEN 77?77 ISSN 2329-
9290.

[Anol5-71]

[Anol5-72]

[Anol5-73]

[Anol5-74]

[Anol5-75]

50

Anonymous:2015:0Aa

Anonymous. Open ac-
cess. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
23(1):227, January 2015.
CODEN 7777 ISSN 2329-
9290.

Anonymous:2015:0Ab

Anonymous.  Open ac-
cess. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
23(2):424, February 2015.
CODEN 7777 ISSN 2329-
9290.

Anonymous:2015:0Ac

Anonymous. Open ac-
cess. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
23(5):957, May 2015. CO-
DEN 7777  ISSN 2329-
9290.

Anonymous:2015:0Ad

Anonymous. Open access.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(6):1100, June 2015. CO-
DEN 7777  ISSN 2329-
9290.

Anonymous:2015:TCa

Anonymous. Table of con-
tents. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
23(1):1-2, January 2015.
CODEN 7777 ISSN 2329-
9290.



REFERENCES

[Anol5-76]

[Ano15-77]

[Anol5-78]

[Ano15-79]

[Ano15-80]

Anonymous:2015:TCb

Anonymous. Table of con-
tents. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
23(1):3-4, January 2015.
CODEN 7777 ISSN 2329-
9290.

Anonymous:2015:TCc

Anonymous. Table of con-
tents. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
23(2):223-224, February
2015. CODEN 7777 ISSN
2329-9290.

Anonymous:2015:TCd

Anonymous. Table of con-
tents. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
23(2):225-226, February
2015. CODEN 7?77?77 ISSN
2329-9290.

Anonymous:2015:TCe

Anonymous. Table of con-
tents. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Process-
ing, 23(3):425-426, March
2015. CODEN 7777 ISSN
2329-9290.

Anonymous:2015:TCf

Anonymous. Table of con-
tents. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
23(4):601-602, April 2015.
CODEN 7777 ISSN 2329-
9290.

[Anol5-81]

[Anol5-82]

[Ano15-83]

[Anol5-84]

[Anol5-85]

o1

Anonymous:2015:TCg

Anonymous. Table of con-
tents. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
23(4):603—-604, April 2015.
CODEN 7777 ISSN 2329-
9290.

Anonymous:2015:TCh

Anonymous. Table of con-
tents. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
23(5):813-814, May 2015.
CODEN 7777 ISSN 2329-
9290.

Anonymous:2015:TCi

Anonymous. Table of con-
tents. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
23(5):815-816, May 2015.
CODEN 7777 ISSN 2329-
9290.

Anonymous:2015:TCj

Anonymous. Table of con-
tents. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
23(6):953-954, June 2015.
CODEN 7777 ISSN 2329-
9290.

Anonymous:2015:TCk

Anonymous. Table of con-
tents. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
23(6):955-956, June 2015.
CODEN 7777 ISSN 2329-
9290.



REFERENCES

[Anol5-86]

[Ano15-87]

[Anol5-88]

[Ano15-89]

[Ano15-90]

Anonymous:2015:TCl1

Anonymous. Table of con-
tents. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Process-
ing, 23(7):1101-1102, July
2015. CODEN 7777 ISSN
2329-9290.

Anonymous:2015:TCm

Anonymous. Table of con-
tents. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Process-
ing, 23(7):1103-1104, July
2015. CODEN 7777 ISSN
2329-9290.

Anonymous:2015:TCn

Anonymous. Table of con-
tents. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
23(8):1245-1246, August
2015. CODEN 7?77?77 ISSN
2329-9290.

Anonymous:2015:TCo

Anonymous. Table of con-
tents. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
23(8):1247-1248, August
2015. CODEN 7777 ISSN
2329-9290.

Anonymous:2015:TCp

Anonymous. Table of con-
tents. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
23(9):1385-1386, Septem-
ber 2015. CODEN 7777
ISSN 2329-9290.

[Anol5-91]

[Anol5-92]

[Ano15-93]

[Anol6a]

[Anol6b]

52

Anonymous:2015:TCq

Anonymous. Table of con-
tents. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
23(9):1387-1388, Septem-
ber 2015. CODEN 7777
ISSN 2329-9290.

Anonymous:2015:TCr

Anonymous. Table of con-
tents. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
23(10):1535-1536, Octo-
ber 2015. CODEN 7777
ISSN 2329-9290.

Anonymous:2015:TCs

Anonymous. Table of con-
tents. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
23(10):1537-1538, Octo-
ber 2015. CODEN 7777
ISSN 2329-9290.

Anonymous:2016:BPa

Anonymous. [blank page].
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 24
(1):C4, January 2016.
CODEN 7777 ISSN 2329-
9290.

Anonymous:2016:BPb

Anonymous. [blank page].
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 24
(2):C4, 7777 2016. CO-
DEN 7777  ISSN 2329-
9290.



REFERENCES

[Anol6c]

[Anol6d]

[Anol6e]

[Anol6f]

[Anol6g]

Anonymous:2016:BPc

Anonymous. Blank page.
IEEE/ACM Transactions

on Audio, Speech, and

Language Processing, 24
(5):C4, May 2016. CO-
DEN 77?77  ISSN 2329-
9290.

Anonymous:2016:BPd

Anonymous. Blank page.
IEEE/ACM Transactions

on Audio, Speech, and

Language Processing, 24
(6):C4, June 2016. CO-
DEN 7777  ISSN 2329-
9290.

Anonymous:2016:BPe

Anonymous. Blank page.
IEEE/ACM Transactions

on Audio, Speech, and

Language Processing, 24
(9):C4, 7777 2016. CO-
DEN 7777  ISSN 2329-
9290.

Anonymous:2016:BPf

Anonymous. Blank page.
IEEE/ACM Transactions

on Audio, Speech, and

Language Processing, 24
(10):C4, 7777 2016. CO-
DEN 7777  ISSN 2329-
9290.

Anonymous:2016:ITMa

Anonymous. IEEE Trans-
actions on Multimedia
information for authors.
IEEE/ACM Transactions

on Audio, Speech, and

Language Processing, 24

[Anol6h]

[Anol6i]

[Anol6j)

[Anol6k]

53

(9):1679-1680, 7?77 2016.
CODEN ?77? ISSN 2329-
9290.

Anonymous:2016:ITMb

Anonymous. IEEE
Transactions on Multime-
dia information for au-
thors. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
24(10):1878-1879,  777?
2016. CODEN 777? ISSN
2329-9290.

Anonymous:2016:IATn

Anonymous. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing edics. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 24(9):
1677-1678, 7777  2016.
CODEN 7777 ISSN 2329-
9290.

Anonymous:2016:IATo

Anonymous. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing edics. IFEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 24(10):
18761877, 7777 2016.
CODEN 7777 ISSN 2329-
9290.

Anonymous:2016:ECIa

Anonymous. EDICS cat-
egories for IEEE/ACM
Transactions on Audio,
Speech, and Language



REFERENCES

[Anol6l]

[Anol6m]

[Anol6n]

[Anol6o]

Processing. IFEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 24(3):608—
609, March 2016. CODEN
7777 ISSN 2329-9290.

Anonymous:2016:ECIb

Anonymous. EDICS cat-
egories for IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing. IFEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 24(4):823
824, April 2016. CODEN
7777 ISSN 2329-9290.

Anonymous:2016:FCa

Anonymous. [front cover].
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 24
(1):C1, January 2016.
CODEN 7777 ISSN 2329-
9290.

Anonymous:2016:FCb

Anonymous. [front cover].
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 24
(2):C1, 7777 2016. CO-
DEN 7777  ISSN 2329-
9290.

Anonymous:2016:FCc

Anonymous. Front cover.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 24
(3):C1, March 2016. CO-

[Anol6p]

[Anol6q)

[Anol6r]

[Anol6s]

[Anol6t]

54

DEN 7777
9290.

ISSN 2329-

Anonymous:2016:FCd

Anonymous. Front cover.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 24
(4):C1, April 2016. CO-
DEN 7777  ISSN 2329-
9290.

Anonymous:2016:FCe

Anonymous. Front cover.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 24
(5):C1, May 2016. CO-
DEN 7777  ISSN 2329-
9290.

Anonymous:2016:FCf

Anonymous. Front cover.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 24
(6):C1, June 2016. CO-
DEN 7777  ISSN 2329-
9290.

Anonymous:2016:FCg

Anonymous. Front cover.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 24
(9):C1, 7777 2016. CO-
DEN 7777  ISSN 2329-
9290.

Anonymous:2016:FCh

Anonymous. Front cover.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 24



REFERENCES

(10):C1, 77?7 2016. CO-
DEN 7777 ISSN 2329-
9290.

Anonymous:2016:IPEa

[Anol6u] Anonymous. IEEE Power
Electronics Society in-
formation. IFEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 24(5):C3, May
2016. CODEN 77?77 ISSN
2329-9290.

Anonymous:2016:IPEb

[Anol6v] Anonymous. IEEE
Power Electronics Soci-
ety information. IEFE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 24(6):
C3, June 2016. CODEN
7777 ISSN 2329-9290.

Anonymous:2016:ISPc

[Anol6w] Anonymous. IEEE Sig-
nal Processing Society.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 24
(9):C2, 7777 2016. CO-
DEN 7777  ISSN 2329-
9290.

Anonymous:2016:ISPd

[Anol6x] Anonymous. IEEE Sig-
nal Processing Society.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 24
(9):C3, 7777 2016. CO-
DEN 7777  ISSN 2329-
9290.

[Anol6y]

[Anol6z]

[Anol6-27]

[Anol6-28]

[Anol6-29]

95

Anonymous:2016:ISPe

Anonymous. IEEE Sig-
nal Processing Society.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 24
(10):C2, 7777 2016. CO-
DEN 7777  ISSN 2329-
9290.

Anonymous:2016:ISPf

Anonymous. IEEE Sig-
nal Processing Society.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 24
(10):C3, 77?77 2016. CO-
DEN 7777  ISSN 2329-
9290.

Anonymous:2016:ISPa

Anonymous. IEEE Sig-
nal Processing Society in-
formation. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 24(1):C3, Jan-
uary 2016. CODEN 7777
ISSN 2329-9290.

Anonymous:2016:ISPb

Anonymous. IEEE Sig-
nal Processing Society in-
formation. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 24(2):C3, 7777
2016. CODEN 77?7? ISSN
2329-9290.

Anonymous:2016:1ATe

Anonymous. IEEE/
ACM Transactions on Au-



REFERENCES

[Ano16-30]

[Anol6-31]

[Anol6-32]

dio, Speech, and Lan-
guage Processing. IEFE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 24(3):
C2, March 2016. CODEN
7777 ISSN 2329-9290.

Anonymous:2016:IATf

Anonymous. IEEE/
ACM Transactions on Au-
dio, Speech, and Lan-
guage Processing. IEFE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 24(3):
C3, March 2016. CODEN
7777 ISSN 2329-9290.

Anonymous:2016:IATg

Anonymous. IEEE/
ACM Transactions on Au-
dio, Speech, and Lan-
guage Processing. IEFE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 24(4):
€2, April 2016. CODEN
7777 ISSN 2329-9290.

Anonymous:2016:IATa

Anonymous. TEEE/ACM
Transactions on Audio,
Speech, and Language
Processing edics. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 24(1):
211-212, January 2016.
CODEN 77?77 ISSN 2329-
9290.

[Ano16-33]

[Anol6-34]

[Ano16-35]

[Anol6-36]

56

Anonymous:2016:IATc

Anonymous. TEEE/ACM
Transactions on Audio,
Speech, and Language
Processing edics. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 24(2):
400401, ?77?7? 2016. CO-
DEN 7777  ISSN 2329-
9290.

Anonymous:2016:IATh

Anonymous. TEEE/ACM
Transactions on Audio,
Speech, and Language
Processing edics. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 24(5):
990-991, May 2016. CO-
DEN 7777  ISSN 2329-
9290.

Anonymous:2016:IATk

Anonymous. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing edics. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 24(6):
1155-1156, June 2016.
CODEN 7777 ISSN 2329-
9290.

Anonymous:2016:IATi

Anonymous. IEEE/
ACM Transactions on Au-
dio, Speech, and Lan-
guage Processing informa-
tion for authors. IFEE/
ACM  Transactions on



REFERENCES

[Ano16-37]

[Ano16-38]

[Ano16-39]

Audio, Speech, and Lan-
guage Processing, 24(5):
992-993, May 2016. CO-
DEN 7777  ISSN 2329-
9290.

Anonymous:2016:1ATI

Anonymous. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing information for
authors. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing,  24(6):1157—
1158, June 2016. CODEN
7777 ISSN 2329-9290.

Anonymous:2016:IATb

Anonymous. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing publication in-
formation. IFEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 24(1):C2, Jan-
uary 2016. CODEN 7777
ISSN 2329-9290.

Anonymous:2016:IATd

Anonymous. TEEE/ACM
Transactions on Audio,
Speech, and Language
Processing publication in-
formation. IFEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 24(2):C2, 777?
2016. CODEN 7777 ISSN
2329-9290.

[Ano16-40]

[Anol6-41]

[Ano16-42]

[Ano16-43]

o7

Anonymous:2016:IATj

Anonymous. TEEE/ACM
Transactions on Audio,
Speech, and Language
Processing publication in-
formation. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 24(5):C2, May
2016. CODEN ?777? ISSN
2329-9290.

Anonymous:2016:IATm

Anonymous. IEEE/
ACM Transactions on Au-
dio, Speech, and Lan-

guage Processing publica-
tion information. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 24(6):
C2, June 2016. CODEN
7777 ISSN 2329-9290.

Anonymous:2016:TAa

Anonymous. Informa-
tion for authors. IEFE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 24(1):
213-214, January 2016.
CODEN 7777 ISSN 2329-
9290.

Anonymous:2016:IAb

Anonymous. Informa-
tion for authors. IFEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 24(2):
402-403, 7777 2016. CO-
DEN 7777  ISSN 2329-
9290.



REFERENCES

[Ano16-44]

[Anol6-45]

[Anol6-46]

[Anol6-47]

[Anol6-48]

Anonymous:2016:IAc

Anonymous. Informa-
tion for authors. IEFE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 24(3):
610611, March 2016.
CODEN 77?77 ISSN 2329-
9290.

Anonymous:2016:IAd

Anonymous. Informa-
tion for authors. IEFE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 24(4):
825826, April 2016. CO-
DEN 7777  ISSN 2329-
9290.

Anonymous:2016:1ICa

Anonymous. Introducing
IEEE Collabratec. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 24(3):
613, March 2016. CODEN
7777 ISSN 2329-9290.

Anonymous:2016:1I1Cb

Anonymous. Introducing
IEEE Collabratec. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 24(4):
828, April 2016. CODEN
7777 ISSN 2329-9290.

Anonymous:2016:11Pa

Anonymous. Introduc-
ing the IEEE PES Re-
source Center. IEFE/
ACM  Transactions on

[Ano16-49]

[Ano16-50]

[Anol6-51]

[Anol6-52]

58

Audio, Speech, and Lan-
guage Processing, 24(9):
1681, 7777 2016. CODEN
7777 ISSN 2329-9290.

Anonymous:2016:1TPb

Anonymous. Introduc-
ing the IEEE PES Re-
source Center. IFEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 24(10):
1880, 7777 2016. CODEN
7777 ISSN 2329-9290.

Anonymous:2016:SIBa

Anonymous. Special issue
on biosignal-based spoken
communication. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 24(5):
995, May 2016. CODEN
7777 ISSN 2329-9290.

Anonymous:2016:SIBb

Anonymous. Special issue
on biosignal-based spoken
communication. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 24(6):
1160, June 2016. CODEN
7777 ISSN 2329-9290.

Anonymous:2016:SISa

Anonymous. Special is-
sue on sound scene and
event analysis. IFEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 24(1):
215, January 2016. CO-



REFERENCES

[Ano16-53]

[Anol6-54]

[Ano16-55]

[Ano16-56]

DEN 7777
9290.

ISSN 2329-

Anonymous:2016:SISb

Anonymous. Special is-
sue on sound scene and
event analysis. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 24(2):
404, 7777 2016. CODEN
7777 ISSN 2329-9290.

Anonymous:2016:SISc

Anonymous. Special is-
sue on sound scene and
event analysis. IFEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 24(3):
612, March 2016. CODEN
7777 ISSN 2329-9290.

Anonymous:2016:SISd

Anonymous. Special is-
sue on sound scene and
event analysis. IFEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 24(4):
827, April 2016. CODEN
7777 ISSN 2329-9290.

Anonymous:2016:SISe

Anonymous. Special is-
sue on sound scene and
event analysis. IFEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 24(5):
994, May 2016. CODEN
7777 ISSN 2329-9290.

[Ano16-57]

[Anol6-58]

[Ano16-59]

[Ano16-60]

[Anol6-61]

59

Anonymous:2016:SISf

Anonymous. Special is-
sue on sound scene and
event analysis. IFEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 24(6):
1159, June 2016. CODEN
7777 ISSN 2329-9290.

Anonymous:2016:TCa

Anonymous. Table of con-
tents. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
24(1):1-2, January 2016.
CODEN 7777 ISSN 2329-
9290.

Anonymous:2016:TCb

Anonymous. Table of con-
tents. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
24(1):3-4, January 2016.
CODEN 7777 ISSN 2329-
9290.

Anonymous:2016:TCc

Anonymous. Table of con-
tents. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
24(2):211-212, 7777 2016.
CODEN 7777 ISSN 2329-
9290.

Anonymous:2016:TCd

Anonymous. Table of con-
tents. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
24(2):213-214, 7777 2016.



REFERENCES

[Anol6-62]

[Anol6-63]

[Anol6-64]

[Ano16-65]

[Ano16-66]

CODEN 7777 ISSN 2329-
9290.

Anonymous:2016:TCe

Anonymous. Table of con-
tents. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Process-
ing, 24(3):405-406, March
2016. CODEN 7777 ISSN
2329-9290.

Anonymous:2016:TCf

Anonymous. Table of con-
tents. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Process-
ing, 24(3):407-408, March
2016. CODEN 7777 ISSN
2329-9290.

Anonymous:2016:TCg

Anonymous. Table of con-
tents. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
24(4):608-609, April 2016.
CODEN 7777 ISSN 2329-
9290.

Anonymous:2016:TCh

Anonymous. Table of con-
tents. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
24(4):610-611, April 2016.
CODEN 7777 ISSN 2329-
9290.

Anonymous:2016:TCi

Anonymous. Table of con-
tents. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,

[Ano16-67]

[Ano16-68]

[Anol6-69]

[Anol6-70]

[Anol6-71]

60

24(5):829-830, May 2016.
CODEN ?7?7?7? ISSN 2329-
9290.

Anonymous:2016:TCj

Anonymous. Table of con-
tents. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
24(5):831-832, May 2016.
CODEN 7777 ISSN 2329-
9290.

Anonymous:2016:TCk

Anonymous. Table of con-
tents. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
24(6):990-991, June 2016.
CODEN 7777 ISSN 2329-
9290.

Anonymous:2016:TCl1

Anonymous. Table of con-
tents. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
24(6):992-993, June 2016.
CODEN 7777 ISSN 2329-
9290.

Anonymous:2016:TCm

Anonymous. Table of con-
tents. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Process-
ing, 24(9):1477-1478, 7777
2016. CODEN 7777 ISSN
2329-9290.

Anonymous:2016:TCn

Anonymous. Table of con-
tents. IEEE/ACM Trans-
actions on Audio, Speech,



REFERENCES

[Anol6-72]

[Ano16-73]

[Anol6-74]

[Anol6-75]

and Language Process-
ing, 24(9):1479-1480, 777?
2016. CODEN 7777 ISSN
2329-9290.

Anonymous:2016:TCo

Anonymous. Table of con-
tents. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
24(10):1677-1678, 7777
2016. CODEN 7777 ISSN
2329-9290.

Anonymous:2016:TCp

Anonymous. Table of con-
tents. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
24(10):1679-1680, 7777
2016. CODEN ?77?7? ISSN
2329-9290.

Anonymous:2016:TCq

Anonymous. Table of con-
tents. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
24(11):1881-1882, 7777
2016. CODEN 7777 ISSN
2329-9290.

Anonymous:2016:TCr

Anonymous. Table of con-
tents. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
24(11):1883-1884, 7777
2016. CODEN 7777 ISSN
2329-9290.

Alameda-Pineda:2014:GAS

[APH14]

X. Alameda-Pineda and
R. Horaud. A geometric

[AR16]

[ARSA14]

[ARSLN16]

61

approach to sound source
localization from time-
delay estimates. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 22(6):
1082-1095, June 2014.
CODEN 7777 ISSN 2329-
9290.

Alon:2016:BOA

D. L. Alon and B. Rafaely.
Beamforming with op-
timal aliasing cancella-
tion in spherical micro-
phone arrays. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 24(1):
196-210, January 2016.
CODEN 7777 ISSN 2329-
9290.

Airaksinen:2014:QCP

M. Airaksinen, T. Raitio,
B. Story, and P. Alku.
Quasi closed phase glot-
tal inverse filtering anal-
ysis with weighted lin-
ear prediction. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 22(3):
596607, March 2014.
CODEN 7777 ISSN 2329-
9290.

Abdul-Rauf:2016:EUI

Sadaf Abdul-Rauf, Holger
Schwenk, Patrik Lambert,
and Mohammad Nawaz.
Empirical use of informa-
tion retrieval to build syn-
thetic data for SMT do-



REFERENCES

[ARW+16]

[AS15]

[ATA16]

main adaptation. IEFE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 24(4):
745-754, April 2016. CO-
DEN 7777  ISSN 2329-
9290.

Adeli:2016:FBI

Mohammad Adeli, Jean

[ATP15]

Rouat, Sean Wood, Stéphane]

Molotchnikoff, and Eric
Plourde. A flexible
bio-inspired  hierarchical
model for analyzing mu-
sical timbre. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 24(5):
875-889, May 2016. CO-
DEN 7777  ISSN 2329-
9290.

Aragonda:2015:DNS

H. Aragonda and C. S.
Seelamantula. Demod-
ulation of narrowband
speech spectrograms us-
ing the Riesz transform.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(11):1824-1834, Novem-
ber 2015. CODEN 7777
ISSN 2329-9290.

Aihara:2016:MNN

Ryo Aihara, Tetsuya
Takiguchi, and Yasuo
Ariki. Multiple non-
negative matrix factor-
ization for many-to-many
voice conversion. IEFE/
ACM  Transactions on

[ATP16]

[AV16]

62

Audio, Speech, and Lan-
guage Processing, 24(7):
1175-1184, July 2016.
CODEN ?77?? ISSN 2329-
9290.

Anderson:2015:SRF

C. A. Anderson, P. D.
Teal, and M. A. Poletti.
Spatially robust far-field
beamforming using the
von Mises(-Fisher) dis-
tribution. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 23(12):2189—
2197, December 2015.
CODEN 7777 ISSN 2329-
9290.

Anderson:2016:SCR

C. A. Anderson, P. D.
Teal, and M. A. Po-
letti. Spatial correlation
of radial Gaussian and
uniform spherical volume
near-field source distribu-
tions. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
24(1):143-150,  January
2016. CODEN 7777 ISSN
2329-9290.

Adiloglu:2016:VBI

Kamil Adiloglu and Em-
manuel Vincent.  Vari-
ational Bayesian infer-
ence for source separation
and robust feature extrac-
tion. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
24(10):1746-1758, 7777



REFERENCES

[AVK*15]

[AY15]

[AZGN14]

2016. CODEN 7777 ISSN
2329-9290.

Adel:2015:SSF

H. Adel, Ngoc Thang Vu,
K. Kirchhoff, D. Telaar,
and T. Schultz. Syn-
tactic and semantic fea-
tures for code-switching
factored language models.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(3):431-440, March 2015.
CODEN 7777 ISSN 2329-
9290.

Aneeja:2015:SFF

G. Aneeja and B. Yeg-
nanarayana. Single fre-
quency filtering approach
for discriminating speech
and nonspeech. I[FEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 23(4):
705717, April 2015. CO-
DEN 7777  ISSN 2329-
9290.

Audhkhasi:2014: TAD

K. Audhkhasi, A. M. Za-
vou, P. G. Georgiou, and
S. S. Narayanan. Theoret-
ical analysis of diversity in
an ensemble of automatic
speech recognition sys-
tems. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Process-
ing, 22(3):711-726, March
2014. CODEN 7?77?77 ISSN
2329-9290.

[AZK15]

[BA16]

[Bay15]

[BBC+16]

63

Abdelaziz:2015:LDS

A. H. Abdelaziz, S. Zeiler,
and D. Kolossa. Learning
dynamic stream weights
for coupled-HMM-based
audio-visual speech recog-
nition. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 23(5):863—
876, May 2015. CODEN
7777 ISSN 2329-9290.

Bahne:2016:0SL

A. Bahne and A. Ahlen.
Optimizing the similarity
of loudspeaker-room re-
sponses in multiple lis-
tening positions. I[IEFE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 24(2):
340-353, 7777 2016. CO-
DEN 7777  ISSN 2329-
9290.

Bayram:2015:MAD

I. Bayram. A multichan-
nel audio denoising for-
mulation based on spec-
tral sparsity. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 23(12):2272—
2285, December 2015.
CODEN 7777 ISSN 2329-
9290.

Bentivogli:2016:EAM

L. Bentivogli, N. Bertoldi,
M. Cettolo, M. Federico,
M. Negri, and M. Turchi.
On the evaluation of adap-



REFERENCES

[BCA15]

[BCB15]

[BD16]

tive machine translation
for human post-editing.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 24
(2):388-399, 7777 2016.
CODEN 7777 ISSN 2329-
9290.

Basaran:2015:PMB

D. Basaran, A. T. Cemgil,
and E. Anarim. A prob-
abilistic model-based ap-
proach for aligning mul-
tiple audio sequences.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(7):1160-1171, July 2015.
CODEN 7777 ISSN 2329-
9290.

Berkun:2015:CBR

R. Berkun, I. Cohen, and
J. DBenesty. Combined
beamformers for robust
broadband regularized su-
perdirective  beamform-
ing. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
23(5):877-886, May 2015.
CODEN 7777 ISSN 2329-
9290.

Brognaux:2016:HBS

S. Brognaux and T. Drug-
man. HMM-based speech
segmentation:  Improve-
ments of fully automatic
approaches. IEFE/ACM
Transactions on Audio,
Speech, and Language
Processing,  24(1):5-15,

[BDL15]

[BDV+14]

[BHBS16]

64

January 2016. CODEN
7777 ISSN 2329-9290.

Banchs:2015:AFM

R. E. Banchs, L. F.
D’Haro, and Haizhou
Li. Adequacy—fluency
metrics: Evaluating MT
in the continuous space
model framework. IFEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 23(3):
472-482, March 2015.
CODEN 7777 ISSN 2329-
9290.

Bahari:2014:NNF

M. H. Bahari, N. De-
hak, H. Van hamme,
L. Burget, A. M. Ali, and
J. Glass. Non-negative
factor analysis of Gaus-
sian mixture model weight
adaptation for language
and dialect recognition.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 22
(7):1117-1129, July 2014.
CODEN 7777 ISSN 2329-
9290.

Bilbao:2016:FVT

S. Bilbao, B. Hamilton,
J. Botts, and L. Savioja.
Finite volume time do-
main room acoustics sim-
ulation under general
impedance boundary con-
ditions. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 24(1):161-



REFERENCES

[BHS*16]

[BKK15]

[BM15]

173, January 2016. CO-
DEN 7777  ISSN 2329-
9290.

Behravan:2016:VMS

H. Behravan, V. Hauta-
maki, S. M. Siniscalchi,
T. Kinnunen, and Chin-
Hui Lee. i-vector mod-
eling of speech attributes
for automatic foreign ac-
cent recognition. IFEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 24(1):
29-41, January 2016. CO-
DEN 7777  ISSN 2329-
9290.

Bates:2015:NSS

A. P. Bates, Z. Khalid,
and R. A. Kennedy. Novel
sampling scheme on the
sphere for head-related
transfer function mea-
surements. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing,  23(6):1068—
1081, June 2015. CODEN
7777 ISSN 2329-9290.

Blanco:2015:SLB

E. Blanco and D. Moldovan.]

A semantic logic-based
approach to determine
textual similarity. IEFE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 23(4):
683-693, April 2015. CO-
DEN 7777  ISSN 2329-
9290.

[BP14]

[BRD15]

[Brel5]

[BS14]

65

Badeau:2014:MHR

R. Badeau and M. D.
Plumbley. Multichan-
nel high-resolution NMF
for modeling convolu-
tive mixtures of mnon-
stationary signals in the
time-frequency  domain.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 22
(11):1670-1680, Novem-
ber 2014. CODEN 7777
ISSN 2329-9290.

Bai:2015:LRS

Hequn Bai, G. Richard,
and L. Daudet. Late
reverberation  synthesis:
From radiance transfer to
feedback delay networks.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(12):2260-2271, Decem-
ber 2015. CODEN 7777
ISSN 2329-9290.

Breebaart:2015:ESI

J. Breebaart. Evalua-
tion of statistical infer-
ence tests applied to sub-
jective audio quality data
with small sample size.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(5):887-897, May 2015.
CODEN 7777 ISSN 2329-
9290.

Botts:2014:SPP

J. Botts and L. Savioja.



REFERENCES

[BSB14]

[BSL15]

[BSL16]

Spectral and pseudospec-
tral properties of finite
difference models used in
audio and room acous-
tics. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
22(9):1403-1412, Septem-
ber 2014. CODEN 7777
ISSN 2329-9290.

Barkefors:2014:DAL

A. Barkefors, M. Sternad,
and L.-J. Brannmark. De-
sign and analysis of lin-
ear quadratic Gaussian
feedforward  controllers
for active noise control.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 22
(12):1777-1791, Decem-
ber 2014. CODEN 777?
ISSN 2329-9290.

Bokaei:2015:LDS

M. H. Bokaei, H. Sameti,
and Yang Liu. Linear
discourse  segmentation
of multi-party meetings
based on local and global
information. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 23(11):1879-
1891, November 2015.
CODEN 77?77 ISSN 2329-
9290.

Bokaei:2016:SMT

Mohammad Hadi Bokaei,
Hossein Sameti, and Yang
Liu. Summarizing meet-
ing transcripts based

[BV16]

[BVGV15]

[BXY14]

66

on functional segmenta-
tion. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
24(10):1831-1841, 7777
2016. CODEN 77?7? ISSN
2329-9290.

Barker:2016:BSA

Tom Barker and Tuo-
mas Virtanen. Blind
separation of audio mix-
tures through nonneg-
ative tensor factoriza-
tion of modulation spec-
trograms. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 24(12):2377—
2389, 7777 2016. CODEN
7777 ISSN 2329-9290.

Baby:2015:CDE

D. Baby, T. Virta-
nen, J. F. Gemmeke,
and H. Van hamme.

Coupled dictionaries for
exemplar-based speech
enhancement and auto-
matic speech recognition.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(11):1788-1799, Novem-
ber 2015. CODEN 7777
ISSN 2329-9290.

Bao:2014:LDD

Guangzhao Bao, Yangfei
Xu, and Zhongfu Ye.
Learning a discrimina-
tive dictionary for single-
channel speech separa-
tion. IEEE/ACM Trans-



REFERENCES

[BY15]

[CB14]

[CBA*15]

actions on Audio, Speech,
and Language Process-
ing, 22(7):1130-1138, July
2014. CODEN 7777 ISSN
2329-9290.

Bicici:2015:01S

E. Bicici and D. Yuret.
Optimizing instance se-
lection for statistical ma-
chine translation with fea-
ture decay algorithms.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(2):339-350, February
2015. CODEN 7777 ISSN
2329-9290.

Cho:2014:RII

Taemin Cho and J. P.
Bello. On the rela-
tive importance of in-
dividual components of
chord recognition sys-
tems. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
22(2):477-492, February
2014. CODEN 7?7777 ISSN
2329-9290.

Canclini:2015:RLC

A. Canclini, P. Bestagini,
F. Antonacci, M. Com-
pagnoni, A. Sarti, and
S.  Tubaro. A ro-
bust and low-complexity
source localization algo-
rithm for asynchronous
distributed  microphone
networks. IEEE/ACM
Transactions on Audio,
Speech, and Language

[CBCL15]

[CBG15]

[CC14a]

67

Processing, 23(10):1563—
1575, October 2015. CO-
DEN 7777  ISSN 2329-
9290.

Chong:2015:DWP

Tze Yuang Chong, R. E.
Banchs, Eng Siong Chng,
and Haizhou Li. Decou-
pling word-pair distance
and co-occurrence infor-
mation for effective long
history context language
modeling.  IEFE/ACM
Transactions on Audio,
Speech, and Language
Processing,  23(7):1221—
1232, July 2015. CODEN
7777 ISSN 2329-9290.

Chen:2015:SEF

Langzhou Chen, N. Braun-|
schweiler, and M. J. F.
Gales. Speaker and ex-
pression factorization for
audiobook data: Expres-
siveness and transplanta-
tion. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
23(4):605-618, April 2015.
CODEN 777? ISSN 2329-
9290.

Chang:2014:FAN

Dah-Chung Chang and
Fei-Tao Chu. Feedforward
active noise control with
a new variable tap-length
and step-size filtered-X
LMS algorithm. IEFE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 22(2):



REFERENCES

[CC14b]

[CC15]

[CCR16]

542-555, February 2014.
CODEN 7777 ISSN 2329-
9290.

Choi:2014:DMV

Jae-Hun Choi and Joon-
Hyuk Chang. Dual-
microphone voice activity
detection technique based
on two-step power level
difference ratio. IFEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 22(6):
1069-1081, June 2014.
CODEN 7777 ISSN 2329-
9290.

Chu:2015:NLP

Y. J. Chu and S. C.
Chan. A new local poly-
nomial  modeling-based
variable forgetting fac-
tor RLS algorithm and
its acoustic applications.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(11):2059-2069, Novem-
ber 2015. CODEN 7777
ISSN 2329-9290.

Carini:2016:RRI

Alberto Carini, Stefania
Cecchi, and Laura Ro-
moli. Robust room im-
pulse response measure-
ment using perfect se-
quences for Legendre non-
linear filters. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 24(11):1969-

[CDA*14]

[CDW16]

[CE14]

68

1982, 7777 2016. CODEN
7777 ISSN 2329-9290.

Conan:2014:SMI

S. Conan, O. Derrien,
M. Aramaki, S. Ys-
tad, and R. Kronland-
Martinet. A synthe-
sis model with intuitive
control capabilities for
rolling sounds. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 22(8):
1260-1273, August 2014.
CODEN 7777 ISSN 2329-
9290.

Cogliati:2016:CDP

Andrea Cogliati, Zhiyao

Duan, and Brendt Wohlberg.]

Context-dependent piano
music transcription with
convolutional sparse cod-
ing. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
24(12):2218-2230,  777?
2016. CODEN 77?7? ISSN
2329-9290.

Cheer:2014:CCP

J. Cheer and S. J. El-
liott. Comments on
“Complete Parallel Nar-
rowband Active Noise
Control Systems”. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 22(5):
995-996, May 2014. CO-
DEN 77?77  ISSN 2329-
9290.



REFERENCES

[CE15]

[CFMM14]

[CG16]

[CGK15]

Carlin:2015:FSA

M. A. Carlin and M. El-
hilali. A framework
for speech activity detec-
tion using adaptive au-
ditory receptive fields.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(12):2422-2433, Decem-
ber 2015. CODEN 7777
ISSN 2329-9290.

Cosentino:2014:CIF

S. Cosentino, T. H. Falk,
D. McAlpine, and T. Mar-
quardt. Cochlear implant
filterbank design and op-
timization: A simulation
study. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
22(2):347-353, February
2014. CODEN 7777 ISSN
2329-9290.

Cui:2016:MLIN

Xiaodong Cui and Vaib-
hava Goel. Maximum like-
lihood nonlinear transfor-
mations based on deep
neural networks. IEFEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 24(11):
2023-2031, 7777  2016.
CODEN 7777 ISSN 2329-
9290.

Cui:2015:DAD

Xiaodong Cui, V. Goel,
and B. Kingsbury. Data
augmentation for deep

[CGL*15]

[CH14]

[CH15]

69

neural network acoustic
modeling. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing,  23(9):1469—
1477, September 2015.
CODEN 77?7? ISSN 2329-
9290.

Cernak:2015:ISC

M. Cernak, P. N. Garner,
A. Lazaridis, P. Motlicek,
and Xingyu Na. In-
cremental syllable-context
phonetic vocoding. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 23(6):
1019-1030, June 2015.
CODEN 7777 ISSN 2329-
9290.

Crespo:2014:MSR

J. B. Crespo and R. C.
Hendriks. Multizone

speech reinforcement. IEFE /]

ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 22(1):
54-66, January 2014. CO-
DEN 7777  ISSN 2329-
9290.

Chen:2015:0MS

Zhangli Chen and V. Hohmann.|

Online monaural speech
enhancement based on pe-
riodicity analysis and a
priori SNR estimation.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(11):1904-1916, Novem-



REFERENCES

[CH16]

[CHCT14]

[Chil5a]

ber 2015. CODEN 7777
ISSN 2329-9290.

Chen:2016:TDB

Kai Chen and Qiang
Huo. Training deep bidi-
rectional LSTM acous-
tic model for LVCSR
by a context-sensitive-
chunk BPTT approach.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 24
(7):1185-1193, July 2016.
CODEN 7777 ISSN 2329-
9290.

Chen:2014:MSR

Sin-Horng Chen, Chiao-
Hua Hsieh, Chen-Yu Chi-
ang, Hsi-Chun Hsiao, Yih-
Ru Wang, Yuan-Fu Liao,
and Hsiu-Min Yu. Model-
ing of speaking rate influ-
ences on Mandarin speech
prosody and its appli-
cation to speaking rate-
controlled TTS. IEFEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 22(7):
1158-1171, July 2014.
CODEN 7777 ISSN 2329-
9290.

Chien:2015:HPY

Jen-Tzung Chien. Hi-
erarchical Pitman—Yor-
Dirichlet language model.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(8):1259-1272,  August

[Chil5b)]

[CHJ14]

[CHWL14]

70

2015. CODEN 7777 ISSN
2329-9290.

Chien:2015:LGS

Jen-Tzung Chien. Laplace
group sensing for acous-
tic models. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 23(5):909-
922, May 2015. CODEN
7777 ISSN 2329-9290.

Chen:2014:MSA

A. Chen and M. A.
Hasegawa-Johnson. Mixed]
stereo audio classifica-
tion using a stereo-input
mixed-to-panned level fea-
ture. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Process-
ing, 22(12):2025-2033,
December 2014. CODEN
7777 ISSN 2329-9290.

Chen:2014:PSS

Chia-Ping  Chen, Yi-
Chin Huang, Chung-Hsien
Wu, and Kuan-De Lee.
Polyglot speech synthe-
sis based on cross-lingual
frame selection using au-
ditory and articulatory
features. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 22(10):1558-
1570, October 2014. CO-
DEN 77?77  ISSN 2329-
9290.



REFERENCES

[CJ15]

[CL14a]

[CL14D]

[CLAG16]

Chen:2015:APS

Liang-Yu Chen and J.-
S. R. Jang. Auto-
matic pronunciation scor-
ing with score combi-
nation by learning to
rank and class-normalized
DP-based quantization.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(11):1737-1749, Novem-
ber 2015. CODEN 7777
ISSN 2329-9290.

Cumani:2014:FSS

S. Cumani and P. Laface.
Factorized sub-space esti-
mation for fast and mem-
ory effective I-vector ex-
traction. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 22(1):248-
259, January 2014. CO-
DEN 7777  ISSN 2329-
9290.

Cumani:2014:LST

S. Cumani and P. Laface.
Large-scale training of
pairwise support vec-
tor machines for speaker
recognition. IFEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 22(11):1590—
1600, November 2014.
CODEN 7777 ISSN 2329-
9290.

Cernak:2016:CDS

Milos Cernak, Alexan-

[CLC+15)

[CLLD14]

71

dros Lazaridis, Afsaneh
Asaei, and Philip N. Gar-
ner. Composition of deep
and spiking neural net-
works for very low bit rate
speech coding.  IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 24(12):
2301-2312, 7777 2016.
CODEN 7777 ISSN 2329-
9290.

Chen:2015:EBN

Kuan-Yu Chen, Shih-
Hung Liu, B. Chen,
Hsin-Min Wang, Ea-Ee
Jan, Wen-Lian Hsu, and
Hsin-Hsi  Chen. Ex-
tractive broadcast news
summarization  leverag-
ing recurrent neural net-
work language modeling
techniques. IEFE/ACM
Transactions on Audio,
Speech, and Language
Processing,  23(8):1322—
1334, August 2015. CO-
DEN 7777  ISSN 2329-
9290.

Chen:2014:VCU

Ling-Hui Chen, Zhen-Hua
Ling, Li-Juan Liu, and
Li-Rong Dai. Voice con-
version using deep neu-
ral networks with layer-
wise generative training.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 22
(12):1859-1872, Decem-
ber 2014. CODEN 7777
ISSN 2329-9290.



REFERENCES

[CLW*16]

[CM15]

[CMY16]

Chen:2016:ETE

Xie Chen, Xunying Liu,
Yonggiang Wang, Mark
J. F. Gales, and Philip C.
Woodland. Efficient train-
ing and evaluation of re-
current neural network
language models for au-
tomatic speech recogni-
tion. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
24(11):2146-2157, 7777
2016. CODEN 77?77 ISSN
2329-9290.

Chen:2015:MLD

Dongpeng  Chen and
B. K.-W. Mak. Mul-
titask learning of deep
neural networks for low-
resource speech recogni-
tion. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Process-
ing, 23(7):1172-1183, July
2015. CODEN 7?77?77 ISSN
2329-9290.

Chen:2016:TIP

Lijiang Chen, Xia Mao,

and Hong Yan.  Text-
independent phoneme
segmentation combining

EGG and speech data.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 24
(6):1029-1037, June 2016.
CODEN 7777 ISSN 2329-
9290.

[CPCBFSF16]

[CPL14]

[CPSFC+14]

72

Cavalieri:2016:CLM

Daniel C. Cavalieri, Sira E]
Palazuelos-Cagigas, Teo-

diano F. Bastos-Filho,
and Maério  Sarcinelli-
Filho. Combination of

language models for word
prediction: An exponen-
tial approach. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 24(9):
1481-1494, 7777 2016.
CODEN 7777 ISSN 2329-
9290.

Cumani:2014:UVP

S. Cumani, O. Plchot, and
P. Laface. On the use
of i-vector posterior dis-
tributions in probabilistic
linear discriminant analy-
sis. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
22(4):846-857, April 2014.
CODEN 7777 ISSN 2329-
9290.

Cobos:2014:CSB

M. Cobos, J. J. Perez-
Solano, S. Felici-Castell,
J. Segura, and J. M.
Navarro. Cumulative-

sum-based localization of
sound events in low-cost
wireless acoustic sensor
networks. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 22(12):1792—
1802, December 2014.



REFERENCES

[CRHT14]

[CRVB+15]

[CSAR*14]

CODEN 7777 ISSN 2329-
9290.

Chivukula:2014:FAL

R. K. Chivukula, Y. A.
Reznik, Yanyan  Hu,

[CSID16]

V. Devarajan, and M. Jayendra-|

Lakshman. Fast al-
gorithms for low-delay
TDAC filterbanks in

MPEG-4 AAC-ELD. IEEEA

ACM  Transactions on

Audio, Speech, and Lan-
guage  Processing, 22
(12):1701-1712, Decem-
ber 2014. CODEN 7777
ISSN 2329-9290.

Chen:2015:DGA

L.-H. Chen, T. Raitio,
C. Valentini-Botinhao, Z.-
H. Ling, and J. Yamag-
ishi. A deep generative
architecture for postfil-
tering in statistical para-
metric speech synthesis.

IEEE/ACM Transactions
on Audio, Speech, and

Language Processing, 23
(11):2003-2014, Novem-
ber 2015. CODEN 7777
ISSN 2329-9290.

Comminiello:2014:NAE

D. Comminiello, M. Scarpini{(JTSC14]

L. A. Azpicueta-Ruiz,

J.  Arenas-Garcia, and

A. Uncini. Nonlinear
acoustic echo cancella-
tion based on sparse func-
tional link representa-

tions. IEEE/ACM Trans-

actions on Audio, Speech,
and Language

Process-

[CT14]

73

ing, 22(7):1172-1183, July
2014. CODEN ???? ISSN
2329-9290.

Celikyilmaz:2016:EIW

Asli  Celikyilmaz, Rubhi
Sarikaya, Minwoo Jeong,
and Anoop Deoras. An
empirical investigation
of word class-based fea-
tures for natural language
understanding. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 24(6):
994-1005, June 2016. CO-
DEN 7777  ISSN 2329-
9290.

Crocco:2014:DSP

M. Crocco and A. Trucco.
Design of superdirective
planar arrays with sparse
aperiodic layouts for pro-
cessing broadband sig-
nals via 3-D beamform-
ing. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
22(4):800-815, April 2014.
CODEN ?777? ISSN 2329-
9290.

Chen:2014:CPT

N. F. Chen, S. W.
Tam, Wade Shen, and
J. P. Campbell. Char-
acterizing phonetic trans-
formations and acous-
tic differences across En-
glish dialects. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 22(1):



REFERENCES

[Cum15]

[CWH*16]

[CWJ15]

110-124, January 2014.
CODEN 7777 ISSN 2329-
9290.

Cumani:2015:FSF

S. Cumani. Fast scoring of
full posterior PLDA mod-
els. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Process-
ing, 23(11):2036-2045,
November 2015. CODEN
7777 ISSN 2329-9290.

Chen:2016:CEP

Yan-You Chen, Chung-

Hsien Wu, Yi-Chin Huang,| [CWW14]

Shih-Lun Lin, and Jhing-
Fa Wang. Candidate
expansion and prosody
adjustment for natural
speech synthesis using a
small corpus. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 24(6):
1052-1065, June 2016.
CODEN 7777 ISSN 2329-
9290.

Chien:2015:APM

Yu-Ren Chien, Hsin-Min
Wang, and Shyh-Kang
Jeng. An acoustic-
phonetic model of FO like-
lihood for vocal melody
extraction. IFEE/ACM
Transactions on Audio,
Speech, and Language
Processing,  23(9):1457—
1468, September 2015.
CODEN 7777 ISSN 2329-
9290.

[CWJ16]

[CY15]

74

Chien:2016:ALA

Yu-Ren Chien, Hsin-Min
Wang, and Shyh-Kang
Jeng. Alignment of lyrics
with accompanied singing
audio based on acoustic-
phonetic vowel likelihood
modeling.  IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 24(11):1998-
2008, 7777 2016. CODEN
7777 ISSN 2329-9290.

Chen:2014:FSC

Jitong Chen, Yuxuan
Wang, and Deliang Wang.
A feature study for
classification-based speech
separation at low signal-
to-noise ratios. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage  Processing, 22
(12):1993-2002, Decem-
ber 2014. CODEN 7777
ISSN 2329-9290.

Cho:2015:UCB

Janghoon Cho and C. D.
Yoo. Underdetermined
convolutive BSS: Bayes
risk minimization based
on a mixture of super-
Gaussian posterior ap-
proximation. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 23(5):
828-839, May 2015. CO-
DEN 7777  ISSN 2329-
9290.



REFERENCES

[CY16]

[CZG*15]

[CZZ15]

[DAFS15]

Chien:2016:BFL

Jen-Tzung Chien and Po-
Kai Yang. Bayesian fac-
torization and learning for
monaural source separa-
tion. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
24(1):185-195,  January
2016. CODEN 7777 ISSN
2329-9290.

Che:2015:SCA

Wanxiang Che, Yanyan
Zhao, Honglei Guo, Zhong
Su, and Ting Liu. Sen-
tence compression for
aspect-based  sentiment
analysis. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 23(12):2111-
2124, December 2015.
CODEN 7777 ISSN 2329-
9290.

Chen:2015:DFR

Wenliang  Chen,  Min
Zhang, and Yue Zhang.
Distributed feature rep-
resentations for depen-
dency parsing. IEFE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 23(3):
451-460, March 2015.
CODEN 7777 ISSN 2329-
9290.

Delgado:2015:FSC

H. Delgado, X. Anguera,
C. Fredouille, and J. Ser-
rano. Fast single- and

[DAMvW15]

[DAR16]

[DB15]

75

cross-show speaker di-
arization using binary
key speaker modeling.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(12):2286-2297, Decem-
ber 2015. CODEN 7777
ISSN 2329-9290.

DeSena:2015:MRG

E. De Sena, N. Antonello,
M. Moonen, and T. van
Waterschoot. On the
modeling of rectangular
geometries in room acous-
tic simulations. IEFE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 23(4):
774-786, April 2015. CO-
DEN 7777  ISSN 2329-
9290.

Degottex:2016:MFA

Gilles Degottex, Luc Ar-
daillon, and Axel Roebel.
Multi-frame  amplitude
envelope estimation for
modification of singing
voice. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Process-
ing, 24(7):1242-1254, July
2016. CODEN 77?7? ISSN
2329-9290.

Dimitriadis:2015: UMM

D. Dimitriadis and E. Boc-]
chieri. Use of micro-
modulation features in
large vocabulary contin-

uous speech recognition
tasks. IEEE/ACM Trans-



REFERENCES

[DBK15]

[DBM15]

[DC16]

actions on Audio, Speech,
and Language Processing,
23(8):1348-1357, August
2015. CODEN 7777 ISSN
2329-9290.

Deng:2015:SHM

Feng Deng, Changchun
Bao, and W. B. Kleijn.
Sparse hidden Markov
models for speech en-

[Den14]

hancement in non-stationaryj

noise environments. IEEE/}
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 23(11):
19731987, November
2015. CODEN 7777 ISSN
2329-9290.

Do:2015:DAS

Quynh Thi Ngoc Do,
S. Bethard, and M.-F.
Moens. Domain adapta-
tion in semantic role la-
beling using a neural lan-
guage model and linguis-
tic resources. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 23(11):1812—
1823, November 2015.
CODEN 7777 ISSN 2329-
9290.

Das:2016:IPP

Rajib Lochan Das and
Mrityunjoy Chakraborty.
Improving the perfor-
mance of the PNLMS al-
gorithm using norm reg-
ularization. IEEE/ACM
Transactions on Audio,
Speech, and Language

[DG15]

[DH14]

76

Processing,  24(7):1280—
1290, July 2016. CODEN
7777 ISSN 2329-9290.

Deng:2014:FEK

Deng. Farewell edito-
rial:  Keeping up the
momentum of innova-
tions. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Process-
ing, 22(12):1687, Decem-
ber 2014. CODEN 7777
ISSN 2329-9290.

Dorfan:2015:TBR

Y. Dorfan and S. Gan-
not. Tree-based recursive
expectation-maximization
algorithm for localiza-
tion of acoustic sources.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(10):1692-1703, October
2015. CODEN 77?7?7 ISSN
2329-9290.

Du:2014:IVF

Jun Du and Qiang Huo.
An improved VTS fea-
ture compensation using
mixture models of distor-
tion and IVN training for
noisy speech recognition.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 22
(11):1601-1611, Novem-
ber 2014. CODEN 7777
ISSN 2329-9290.



REFERENCES

[DHCS15]

[DHP14]

[DHSG15]

[DHYG14]

DeSena:2015:ESR

E. De Sena, H. Hacthabiboglu,]

Z. Cvetkovié, and J. O.
Smith. Efficient synthe-
sis of room acoustics via
scattering delay networks.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(9):1478-1492, September
2015. CODEN 77?77 ISSN
2329-9290.

Duan:2014:MPS

Zhiyao Duan, Jinyu Han,
and B. Pardo. Multi-pitch
streaming of harmonic
sound mixtures. IEFE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 22(1):
138-150, January 2014.
CODEN 7777 ISSN 2329-
9290.

Deleforge:2015:CLA

A. Deleforge, R. Horaud,
Y. Y. Schechner, and
L. Girin. Co-localization
of audio sources in images
using binaural features
and locally-linear regres-
sion. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
23(4):718-731, April 2015.
CODEN 7777 ISSN 2329-
9290.

Davies:2014:AAC

M. E. P. Davies, P. Hamel,
K. Yoshii, and M. Goto.
AutoMashUpper:  Auto-

T

matic creation of multi-
song music mashups.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 22
(12):1726-1737, Decem-
ber 2014. CODEN 7777
ISSN 2329-9290.

de-la-Calle-Silos:2015:MFP

[dICSVAGAPM15] F. de-la Calle-Silos, F. J.

[DM16]

[DMVP16]

Valverde-Albacete, A. Gallardo-]
Antolin, and C. Pelaez-
Moreno. Morphologically
filtered power-normalized
cochleograms as robust,
biologically inspired fea-
tures for ASR. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 23(11):
2070-2080, November
2015. CODEN 7777 ISSN
2329-9290.

Dittmar:2016:REA

Christian Dittmar and
Meinard Miiller. Reverse
engineering the amen
break — score-informed
separation and restoration
applied to drum record-
ings. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Process-
ing, 24(9):1535-1547, 7777
2016. CODEN ?777? ISSN
2329-9290.

Delikaris-Manias:2016:SDS

Symeon Delikaris-Manias,
Juha Vilkamo, and Ville
Pulkki. Signal-dependent
spatial filtering based



REFERENCES

[DP16]

[DRFO14]

[DSMD15]

on  weighted-orthogonal
beamformers in the spher-
ical harmonic domain.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 24
(9):1511-1523, 7777 2016.
CODEN 7777 ISSN 2329-
9290.

Deepak:2016:FSS

K. T. Deepak and S. R. Ma-]

hadeva Prasanna. Fore-
ground speech segmen-
tation and enhancement
using glottal closure in-
stants and mel cepstral
coefficients. IFEE/ACM
Transactions on Audio,
Speech, and Language
Processing, — 24(7):1204—
1218, July 2016. CODEN
7777 ISSN 2329-9290.

Deng:2014:EET

L. Deng, S. Renals,
M. Federico, and M. Os-
tendorf. Editorial: Ex-
panding the technical
reach of our transactions.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 22
(1):5, January 2014. CO-
DEN 7777  ISSN 2329-
9290.

Decorsiere:2015:IAS

R. Decorsiere, P. L.
Sendergaard, E. N. Mac-
Donald, and T. Dau.
Inversion of auditory
spectrograms, traditional
spectrograms, and other

[DTC15]

[DTC16]

[DTDL16]

78

envelope representations.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(1):46-56, January 2015.
CODEN 7777 ISSN 2329-
9290.

Dov:2015:AVV

D. Dov, R. Talmon,
and I. Cohen.  Audio-
visual voice activity detec-
tion using diffusion maps.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(4):732-745, April 2015.
CODEN 7777 ISSN 2329-
9290.

Dov:2016: KMV

David Dov, Ronen Tal-
mon, and Israel Co-
hen. Kernel method for
voice activity detection
in the presence of tran-
sients. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
24(12):2313-2326,  777?
2016. CODEN 7777 ISSN
2329-9290.

Du:2016:RAS

Jun Du, Yanhui Tu, Li-
Rong Dai, and Chin-
Hui Lee. A regres-
sion approach to single-
channel speech separation
via high-resolution deep
neural networks. IFEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 24(8):



REFERENCES

[DTL15]

[DTN*14]

[DV14al

1424-1437, 7777 2016.
CODEN 7777 ISSN 2329-
9290.

Dennis:2015:GHT

J. Dennis, H. D. Tran,
and Haizhou Li. Gen-
eralized Hough transform
for speech pattern clas-
sification. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 23(11):1963—
1972, November 2015.
CODEN 7777 ISSN 2329-
9290.

Do0i:2014:ASE

H. Doi, T. Toda, K. Naka-
mura, H. Saruwatari,
and K. Shikano. Ala-
ryngeal speech enhance-
ment based on one-to-
many eigenvoice conver-
sion. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
22(1):172-183,  January
2014. CODEN 7777 ISSN
2329-9290.

DAngelo:2014:GMLa

S. D’Angelo and V. Vali-
maki. Generalized Moog
ladder filter: Part I — lin-
ear analysis and param-
eterization. IFEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 22(12):1825—
1832, December 2014.
CODEN 77?77 ISSN 2329-
9290.

[DV14b)]

[DvWDM14]

[DWX+16]

79

DAngelo:2014:GMLDb

S. D’Angelo and V. Vali-
maki. Generalized Moog
ladder filter: Part II —
explicit nonlinear model
through a novel delay-
free loop implementation
method. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 22(12):1873—
1883, December 2014.
CODEN 7777 ISSN 2329-
9290.

Defraene:2014:EOB

B. Defraene, T. van Wa-
terschoot, M. Diehl, and
M. Moonen. Embedded-
optimization-based loud-
speaker precompensa-
tion using a Hammer-
stein loudspeaker model.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 22
(11):1648-1659, Novem-
ber 2014. CODEN 7777
ISSN 2329-9290.

Dong:2016:AMC

Li Dong, Furu Wei,
Ke Xu, Shixia Liu, and
Ming Zhou. Adaptive
multi-compositionality for
recursive neural network
models. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 24(3):422-
431, March 2016. CODEN
7777 ISSN 2329-9290.



REFERENCES

[EGMN16]

[EJ16]

[ES16]

[EZS14]

Eaton:2016:ERA

James Eaton, Nikolay D.
Gaubitch, Alastair H.
Moore, and Patrick A.
Naylor. Estimation of
room acoustic parame-
ters:  The ACE chal-
lenge. IEFE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
24(10):1681-1693, 7777
2016. CODEN 7777 ISSN
2329-9290.

Epain:2016:SHS

Nicolas Epain and Craig T'|]
Jin. Spherical har-
monic signal covariance
and sound field diffuse-
ness. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
24(10):1796-1807, 7777
2016. CODEN 7777 ISSN
2329-9290.

Ewert:2016:PTS

Sebastian ~ Ewert  and
Mark Sandler. Piano tran-
scription in the studio us-
ing an extensible alter-
nating directions frame-
work. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
24(11):1983-1997, 7777
2016. CODEN ?77?7? ISSN
2329-9290.

Erro:2014:EIS

D. Erro, T.-C. Zorila, and
Y. Stylianou. Enhancing
the intelligibility of sta-

[FADARF16]

[FDK15]

[FGQ*+15]

80

tistically generated syn-
thetic speech by means
of noise-independent mod-
ifications. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 22(12):2101—
2111, December 2014.
CODEN 777? ISSN 2329-
9290.

Fuster:2016:AFX

Laura  Fuster, Maria

de Diego, Luis A. Azpicueta-]

Ruiz, and Miguel Fer-
rer.  Adaptive filtered-
x algorithms for room
equalization based on
block-based combination
schemes. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 24(10):1732—
1745, 7777 2016. CODEN
7777 ISSN 2329-9290.

Foster:2015:ICS

P. Foster, S. Dixon,
and A. Klapuri. Iden-
tifying cover songs us-
ing information-theoretic
measures of similarity.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(6):993-1005, June 2015.
CODEN 7777 ISSN 2329-
9290.

Fu:2015:LSH

Ruiji Fu, Jiang Guo,
Bing Qin, Wanxiang Che,
Haifeng Wang, and Ting
Liu. Learning semantic



REFERENCES

[FLB16]

[FLMS16]

[FM15]

hierarchies: A continuous
vector space approach.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(3):461-471, March 2015.
CODEN 7777 ISSN 2329-
9290.

FitzGerald:2016:PBD

Derry FitzGerald, An-
toine Liutkus, and Roland
Badeau. Projection-based
demixing of spatial audio.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 24
(9):1560-1572, 7777 2016.
CODEN 7777 ISSN 2329-
9290.

Ferrer:2016:SSB

L. Ferrer, Yun Lei,
M. McLaren, and N. Schef-]
fer. Study of senone-based
deep neural network ap-
proaches for spoken lan-
guage recognition. IEFE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 24(1):
105-116, January 2016.
CODEN 7777 ISSN 2329-
9290.

Fallahpour:2015:AWB

M. Fallahpour and D. Megias.]

Audio watermarking basedl
on Fibonacci numbers.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(8):1273-1282,  August

81

2015. CODEN 77?7? ISSN
2329-9290.

Ferras:2016:SDL

Marc Ferras, Srikanth
Madikeri, and Hervé
Bourlard. Speaker di-
arization and linking of
meeting data. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 24(11):
1935-1945, 7777 2016.
CODEN 7777 ISSN 2329-
9290.

Foster:2014:SCD

P. Foster, M. Mauch, and
S. Dixon. Sequential
complexity as a descrip-
tor for musical similarity.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 22
(12):1965-1977, Decem-
ber 2014. CODEN 7777
ISSN 2329-9290.

Fujioka:2015:HPH

T. Fujioka, Y. Nagata,
and M. Abe. High-
precision harmonic distor-
tion level measurement of
a loudspeaker using adap-
tive filters in a noisy en-
vironment. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 23(10):1613—
1622, October 2015. CO-
DEN 77?77  ISSN 2329-
9290.



REFERENCES

[FOBP15]

[FWM*14a]

[FWM™*14b)]

Fang:2015:ELM

Hao Fang, M. Ostendorf,
P. Baumann, and J. Pier-
rehumbert. Exponen-
tial language modeling us-
ing morphological features
and multi-task learning.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(12):2410-2421, Decem-
ber 2015. CODEN 7777
ISSN 2329-9290.

FanChiang:2014:CLC

Y. FanChiang, C.-W.
Wei, Y.-L. Meng, Y.-
W. Lin, S.-J. Jou, and
T.-S. Chang. Correc-
tion to “Low Complex-
ity Formant Estimation
Adaptive Feedback Can-
cellation for Hearing Aids
Using Pitch Based Pro-
cessing” [Aug 14 1248
1259]. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Process-
ing, 22(12):2256, Decem-
ber 2014. CODEN 7777
ISSN  2329-9290. See
[FWMT14b].

FanChiang:2014:LCF

Yi FanChiang, Cheng-
Wen Wei, Yi-Le Meng,
Yu-Wen Lin, Shyh-Jye
Jou, and Tian-Sheuan
Chang. Low complexity
formant estimation adap-
tive feedback cancella-
tion for hearing aids us-
ing pitch based process-

[FZZ*15)

[GB14]

[GBH16]

82

ing. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
22(8):1248-1259, August
2014. CODEN 777? ISSN
2329-9290. See correction
[FWMT14al.

Feng:2015: TGS

Zu-Ren Feng, Qing Zhou,
Jun Zhang, Ping Jiang,
and Xue-Wen Yang. A
target guided subband fil-
ter for acoustic event de-
tection in noisy environ-
ments using wavelet pack-
ets. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
23(2):361-372, February
2015. CODEN 77?7? ISSN
2329-9290.

Gonzalez:2014:PPE

S. Gonzalez and M. Brookes |

PEFAC — a pitch es-
timation algorithm ro-
bust to high levels of
noise. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
22(2):518-530, February
2014. CODEN 7777 ISSN
2329-9290.

Ghaffarzadegan:2016:GMP

Shabnam Ghaffarzade-
gan, Hynek Bofil, and
John H. L. Hansen.

Generative modeling of
pseudo-whisper for robust
whispered speech recogni-
tion. IEEE/ACM Trans-
actions on Audio, Speech,



REFERENCES

[GCIT14]

[GCvWMJ14]

[GAC14]

and Language Processing,
24(10):1705-1720, 7777
2016. CODEN 7777 ISSN
2329-9290.

Giacobello:2014:SNE

D. Giacobello, M. G.
Christensen, T. L. Jensen,
M. N. Murthi, S. H.
Jensen, and M. Moonen.
Stable 1-norm error mini-
mization based linear pre-
dictors for speech model-
ing. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
22(5):912-922, May 2014.
CODEN 7777 ISSN 2329-
9290.

Gil-Cacho:2014:FDA

J. M. Gil-Cacho, T. van
Waterschoot, M. Moonen,
and S. H. Jensen. A
frequency-domain adap-
tive filter (FDAF) predic-
tion error method (PEM)
framework for double-
talk-robust acoustic echo
cancellation. IFEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 22(12):2074—
2086, December 2014.
CODEN 7777 ISSN 2329-
9290.

Guldenschuh:2014:DSP

M. Guldenschuh and
R. de Callafon. Detection
of secondary-path irregu-
larities in active noise con-
trol headphones. IEEE/
ACM  Transactions on

[GEC15]

[GFG*14]

[GI15]

83

Audio, Speech, and Lan-
guage Processing, 22(7):
1148-1157, July 2014.
CODEN ?77?? ISSN 2329-
9290.

Galvez:2015:TDO

M. F. Simon Galvez, S. J.
Elliott, and J. Cheer.
Time domain optimiza-
tion of filters used in a
loudspeaker array for per-
sonal audio. IEFE/ACM
Transactions on Audio,
Speech, and Language
Processing, 23(11):1869-
1878, November 2015.
CODEN 7777 ISSN 2329-
9290.

Gangeh:2014:MSD

M. J. Gangeh, P. Fewzee,
A. Ghodsi, M. S. Kamel,
and F. Karray. Mul-
tiview supervised dictio-
nary learning in speech
emotion recognition. IEFE |
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 22(6):
1056-1068, June 2014.
CODEN 7777 ISSN 2329-
9290.

Gerazov:2015:KPF

B. Gerazov and Z. Ivanovski.]
Kernel power flow orienta-
tion coefficients for noise-
robust speech recogni-
tion. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
23(2):407-419, February



REFERENCES

[GIB15)]

[GKC16]

[GLC+14]

2015. CODEN 7777 ISSN
2329-9290.

Graja:2015:SFK

M. Graja, M. Jaoua, and
L. H. Belguith. Statisti-
cal framework with knowl-
edge base integration for
robust speech understand-
ing of the tunisian dialect.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(12):2311-2321, Decem-
ber 2015. CODEN 7777
ISSN 2329-9290.

Gkiokas:2016: TMP

Aggelos Gkiokas, Vassilis

Katsouros, and George
Carayannis. Towards
multi-purpose spectral

rhythm features: An ap-
plication to dance style,
meter and tempo estima-
tion. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
24(11):1885-1896, 7777
2016. CODEN 77?77 ISSN
2329-9290.

Gao:2014:SSF

Dehong Gao, Wenjie Li,
Xiaoyan Cai, Renxian
Zhang, and You Ouyang.
Sequential summariza-
tion: A full view of
Twitter trending top-
ics. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
22(2):293-302, February

[GLQ16]

[GMFG16]

[GMH14]

84

2014. CODEN 7777 ISSN
2329-9290.

Gao:2016:SSA

Min Gao, Jing Lu, and
Xiaojun Qiu. A simpli-
fied subband ANC algo-
rithm without secondary
path modeling. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 24(7):
1164-1174, July 2016.
CODEN 7777 ISSN 2329-
9290.

Grijalva:2016:MLA

Felipe Grijalva, Luiz Mar-
tini, Dinei Florencio, and
Siome Goldenstein. A
manifold learning ap-
proach for personalizing
HRTFs from anthropo-
metric features. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 24(3):
559-570, March 2016.
CODEN 7777 ISSN 2329-
9290.

Ganapathy:2014:RFE

S. Ganapathy, S. H.
Mallidi, and H. Herman-
sky. Robust feature ex-
traction using modula-
tion filtering of autore-
gressive models. IFEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 22(8):
1285-1295, August 2014.
CODEN 7777 ISSN 2329-
9290.



REFERENCES

[GR14]

[GWGT14]

[GY14]

Ghalehjegh:2014:LRB

S. H. Ghalehjegh and
R. C. Rose. Linear regres-
sion based acoustic adap-
tation for the subspace
Gaussian mixture model.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 22
(9):1391-1402, September
2014. CODEN 7777 ISSN
2329-9290.

Geiger:2014:MEN

J. T. Geiger, F. Weninger,

[HAGSZ16]

J. F. Gemmeke, M. Wollmer ]

B. Schuller, and G. Rigoll.
Memory-enhanced neural
networks and NMF for ro-
bust ASR. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing,  22(6):1037—
1046, June 2014. CODEN
7777 ISSN 2329-9290.

Gasic:2014:GPP

M. Gasic and S. Young.
Gaussian  processes for
POMDP-based dialogue
manager optimization.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 22
(1):28-40, January 2014.
CODEN 7777 ISSN 2329-
9290.

Hacihabiboglu:2014: TAO

[Hacl4]

Hiiseyim Hacihabiboglu.
Theoretical analysis of
open spherical micro-
phone arrays for acoustic

[HBF+16]

[HBLC14]

85

intensity —measurements.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 22
(2):465-476, February
2014. CODEN 77?7? ISSN
2329-9290.

Hajimolahoseini:2016:RET

Habib  Hajimolahoseini,
Rassoul Amirfattahi, Saeed]
Gazor, and Hamid Soltanian-]
Zadeh. Robust estima-
tion and tracking of pitch
period using an efficient
Bayesian filter. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 24(7):
1219-1229, July 2016.
CODEN 7777 ISSN 2329-
9290.

He:2016:UPB

Yanzhang He, P. Bau-
mann, Hao Fang, B. Hutchin-}
son, A. Jaech, M. Os-
tendorf, E. Fosler-Lussier,
and J. Pierrehumbert. Us-
ing pronunciation-based
morphological  subword
units to improve OOV
handling in  keyword
search. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 24(1):79-92,
January 2016. CODEN
7777 ISSN 2329-9290.

Huang:2014:FMS

Gongping Huang, J. Ben-
esty, Tao Long, and Jing-
dong Chen. A fam-



REFERENCES

[HCJT15]

[HDG16]

[Hel14]

ily of maximum SNR fil-
ters for noise reduction.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 22
(12):2034-2047, Decem-
ber 2014. CODEN 7777
ISSN 2329-9290.

Hendriks:2015:ONE

R. C. Hendriks, J. B.
Crespo, J. Jensen, and
C. H. Taal. Optimal near-
end speech intelligibility
improvement incorporat-
ing additive noise and
late reverberation under
an approximation of the
short-time SII.  IEFE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 23(5):
851-862, May 2015. CO-
DEN 7777  ISSN 2329-
9290.

Hadad:2016:BLB

Elior Hadad, Simon Do-
clo, and Sharon Gan-
not. The binaural LCMV
beamformer and its per-
formance analysis. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 24(3):
543-558, March 2016.
CODEN 77?7?7 ISSN 2329-
9290.

Helie:2014:SFO
T. Helie. Simulation
of fractional-order low-

pass filters. IFEE/ACM
Transactions on Audio,

[HF15]

[HGAPB15)]

[HGT15a]

86

Speech, and Language
Processing, 22(11):1636—
1647, November 2014.
CODEN 7777 ISSN 2329-

9290.
Hoffmann:2015:TSA

F.-M. Hoffmann and
F. M. Fazi. Theoretical
study of acoustic circu-
lar arrays with tangential
pressure gradient sensors.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(11):1762-1774, Novem-
ber 2015. CODEN 7777
ISSN 2329-9290.

Hueber:2015:SAA

T. Hueber, L. Girin,
X. Alameda-Pineda, and
G. Bailly. Speaker-

adaptive acoustic-articulatoryl

inversion using cascaded
Gaussian mixture regres-
sion. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Process-
ing, 23(12):2246-2259,
December 2015. CODEN
7777 ISSN 2329-9290.

He:2015:PAE

Jianjun He, Woon-Seng
Gan, and Ee-Leng Tan.
Primary-ambient extrac-
tion using ambient spec-
trum estimation for im-
mersive spatial audio re-
production. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing,  23(9):1431—



REFERENCES

[HGT15b)

[HGT15¢]

[HH14]

1444, September 2015.
CODEN 7777 ISSN 2329-
9290.

He:2015:TSB

Jianjun He, Woon-Seng
Gan, and Ee-Leng Tan.

[HHC16]

Time-shifting based primary-J

ambient extraction for
spatial audio reproduc-
tion. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
23(10):1576-1588, Octo-
ber 2015. CODEN 7777
ISSN 2329-9290.

Hua:2015:TSE

Guang Hua, J. Goh, and
V. L. L. Thing. Time-
spread echo-based audio
watermarking with op-
timized imperceptibility
and robustness. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 23(2):
227-239, February 2015.
CODEN 7777 ISSN 2329-
9290.

Hasan:2014:MLA

T. Hasan and J. H. L.
Hansen. Maximum likeli-
hood acoustic factor anal-
ysis models for robust
speaker verification in
noise. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
22(2):381-391, February
2014. CODEN 7?77?77 ISSN
2329-9290.

[HKHJS15]

[HL14]

87

Hung:2016:RSR

Jeih-Weih Hung, Hsin-
Ju Hsieh, and Berlin
Chen. Robust speech
recognition via enhancing
the complex-valued acous-
tic spectrum in modu-
lation domain. IFEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 24(2):
236-251, 7777 2016. CO-
DEN 7777  ISSN 2329-
9290.

Huang:2015:JOM

Po-Sen Huang, Minje

Kim, M. Hasegawa-Johnson,]

and P. Smaragdis. Joint
optimization of masks and
deep recurrent neural net-
works for monaural source
separation. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 23(12):2136—
2147, December 2015.
CODEN 777? ISSN 2329-
9290.

Hawes:2014:SAD

M. B. Hawes and Wei
Liu. Sparse array design
for wideband beamform-
ing with reduced com-
plexity in tapped delay-
lines. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
22(8):1236-1247, August
2014. CODEN ?777? ISSN
2329-9290.



REFERENCES

[HL15]

[HLL15]

[HM14]

[HMDG15]

Hu:2015:SSV

Ying Hu and Guizhong
Liu. Separation of
singing voice using non-
negative matrix partial
co-factorization for singer
identification. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 23(4):
643-653, April 2015. CO-
DEN 7777  ISSN 2329-
9290.

Heidel:2015:FCF

A. Heidel, Hsiang-Hung
Lu, and Lin-Shan Lee.
Finding complex features
for guest language frag-
ment recovery in resource-
limited code-mixed speech
recognition. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 23(12):2148—
2161, December 2015.
CODEN 7777 ISSN 2329-
9290.

Hui:2014:LSA

Pui-Yu Hui and H. Meng.
Latent semantic analysis
for multimodal user in-
put with speech and ges-
tures. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
22(2):417-429, February
2014. CODEN 7777 ISSN
2329-9290.

Hadad:2015:TAB

E. Hadad, D. Marquardt,

[HNY+15]

[HOF15]

[HPB15]

88

S. Doclo, and S. Gan-
not. Theoretical analysis
of binaural transfer func-
tion MVDR beamform-
ers with interference cue
preservation constraints.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(12):2449-2464, Decem-
ber 2015. CODEN 7777
ISSN 2329-9290.

Hirao:2015:SDT

T. Hirao, M. Nishino,
Y. Yoshida, J. Suzuki,
N. Yasuda, and M. Na-
gata. Summarizing a doc-
ument by trimming the
discourse tree. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 23(11):
20812092, November
2015. CODEN 7777 ISSN
2329-9290.

Hutchinson:2015:SPL

B. Hutchinson, M. Osten-
dorf, and M. Fazel. A
sparse plus low-rank expo-
nential language model for
limited resource scenarios.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(3):494-504, March 2015.
CODEN 7777 ISSN 2329-
9290.

Habibi:2015:KEC

M. Habibi and A. Popescu-]
Belis. Keyword extraction
and clustering for doc-



REFERENCES

[HS15]

[hShWsL15]

[HTG14]

ument recommendation
in conversations. IEFE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 23(4):
746-759, April 2015. CO-
DEN 7777  ISSN 2329-
9290.

Heo0:2015:CBS

Inseok Heo and W. A.
Sethares.  Classification
based on speech rhythm
via a temporal align-
ment of spoken sentences.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(12):2209-2216, Decem-
ber 2015. CODEN 7777
ISSN 2329-9290.

Su:2015:RDG

Pei hao Su, Chuan
hsun Wu, and Lin shan
Lee. A recursive dialogue
game for personalized
computer-aided pronun-
ciation training. IFEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 23(1):
127-141, January 2015.
CODEN 7777 ISSN 2329-
9290.

He:2014:LEB

Jianjun He, Ee-Leng Tan,
and Woon-Seng Gan.
Linear estimation based
primary-ambient extrac-
tion for stereo audio sig-
nals. IEEE/ACM Trans-
actions on Audio, Speech,

[HW14]

[HWRC15]

[HWW15]

89

and Language Processing,
22(2):505-517, February
2014. CODEN 77?7? ISSN
2329-9290.

Han:2014:NNB

Kun Han and Deliang
Wang. Neural net-
work based pitch track-
ing in very noisy speech.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 22
(12):2158-2168, Decem-
ber 2014. CODEN 7777
ISSN 2329-9290.

Hon:2015:AFM

Tsz-Kin Hon, Lin Wang,
J. D. Reiss, and A. Cav-
allaro. Audio fingerprint-
ing for multi-device self-
localization. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 23(10):1623—
1636, October 2015. CO-
DEN 7777  ISSN 2329-
9290.

Han:2015:LSM

Kun Han, Yuxuan Wang,
Deliang Wang, W. S.
Woods, I. Merks, and Tao
Zhang. Learning spectral
mapping for speech dere-
verberation and denois-
ing. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
23(6):982-992, June 2015.
CODEN 777? ISSN 2329-
9290.



REFERENCES

[HWW16]

[HXWS15]

[HYI15]

Huang:2016:IMP

Yi-Chin Huang, Chung-
Hsien Wu, and Si-Ting
Weng. Improving Man-
darin prosody generation
using alternative smooth-
ing techniques. IFEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 24(11):
1897-1907, 7777  2016.
CODEN 7777 ISSN 2329-
9290.

Huang:2015:MFS

Hao Huang, Haihua Xu,
Xianhui Wang, and W. Sil-]
amu. Maximum F1-
score discriminative train-
ing criterion for automatic
mispronunciation detec-
tion. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
23(4):787-797, April 2015.
CODEN 7777 ISSN 2329-
9290.

Hirayama:2015:ASR

N. Hirayama, K. Yoshino,
K. Itoyama, S. Mori, and
H. G. Okuno. Auto-
matic speech recognition
for mixed dialect utter-
ances by mixing dialect
language models. IEFE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 23(2):
373-382, February 2015.
CODEN 7777 ISSN 2329-
9290.

[ITY16]

[ISZA15]

[TBC16]

90

Ikemiya:2016:SVS

Yukara Ikemiya, Kat-
sutoshi Itoyama, and
Kazuyoshi Yoshii. Singing
voice separation and vo-
cal FO estimation based
on mutual combination of
robust principal compo-
nent analysis and subhar-
monic summation. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 24(11):
2084-2095, 7777 2016.
CODEN 777? ISSN 2329-
9290.

Islam:2015:SEB

M. T. Islam, C. Shahnaz,
Wei-Ping Zhu, and M. O.
Ahmad. Speech enhance-
ment based on student
modeling of teager en-
ergy operated perceptual
wavelet packet coefficients
and a custom threshold-
ing function. IEFE/ACM
Transactions on Audio,
Speech, and Language
Processing, 23(11):1800—
1811, November 2015.
CODEN 7777 ISSN 2329-
9290.

Jensen:2016:NRO

Jesper Rindom Jensen,

Jacob Benesty, and Mads Graesbglll

Christensen. Noise reduc-
tion with optimal vari-
able span linear filters.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 24



REFERENCES

[JBTL15]

[JCBJ15]

[JEP14]

(4):631-644, April 2016.
CODEN ???? ISSN 2329-
9290.

Jiao0:2015:CWC

Yishan Jiao, V. Berisha,
Ming Tu, and J. Liss.
Convex weighting criteria
for speaking rate estima-
tion. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
23(9):1421-1430, Septem-
ber 2015. CODEN 7777
ISSN 2329-9290.

Jensen:2015:JST

J. R. Jensen, M. G. Chris-
tensen, J. Benesty, and
S. H. Jensen. Joint spatio-
temporal filtering meth-
ods for DOA and funda-
mental frequency estima-
tion. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
23(1):174-185,  January
2015. CODEN 77?77 ISSN
2329-9290.

Jin:2014:DOE

C. T. Jin, N. Epain, and
A. Parthy. Design, op-
timization and evaluation
of a dual-radius spherical
microphone array. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 22(1):
193-204, January 2014.
CODEN 7777 ISSN 2329-
9290.

[JIB16]

[JK15]

[JP14]

91

Ji:2016:PRS

An Ji, Michael T. John-
son, and Jeffrey J. Berry.
Parallel reference speaker
weighting for kinematic-
independent acoustic-to-
articulatory inversion.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 24
(10):1865-1875, 777? 2016.]
CODEN 777? ISSN 2329-
9290.

Jin:2015: TDM

Wenyu Jin and W. B.
Kleijn. Theory and design
of multizone soundfield re-
production using sparse
methods. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 23(12):2343—
2355, December 2015.
CODEN 7777 ISSN 2329-
9290.

Jain:2014:EBM

P. Jain and R. B. Pachori.
Event-based method for
instantaneous fundamen-
tal frequency estimation
from voiced speech based
on eigenvalue decomposi-
tion of the Hankel matrix.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 22
(10):1467-1482, October
2014. CODEN ?777? ISSN
2329-9290.



REFERENCES

[JSR16]

[ISYW16]

[JT14]

[JT15]

Jeffet:2016:TPE

Michael Jeffet, Noam R.
Shabtai, and Boaz Rafaely.]
Theory and perceptual
evaluation of the binaural
reproduction and beam-
forming tradeoff in the
generalized spherical ar-
ray beamformer. IFEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 24(4):
708-718, April 2016. CO-
DEN 7777  ISSN 2329-
9290.

Jao:2016:MMS

Ping-Keng Jao, Li Su, Yi-
Hsuan Yang, and Brendt
Wohlberg. Monaural mu-
sic source separation using
convolutional sparse cod-
ing. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
24(11):2158-2170, 7777
2016. CODEN 77?77 ISSN
2329-9290.

Jensen:2014:SIP

J. Jensen and C. H. Taal.
Speech intelligibility pre-
diction based on mu-
tual information. IEFE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 22(2):
430-440, February 2014.
CODEN 777? ISSN 2329-
9290.

Jensen:2015:MMS

J. Jensen and Zheng-

[JT16]

[JTHN14]

[TVR16]

92

Hua Tan. Minimum
mean-square error esti-
mation of mel-frequency
cepstral features — a
theoretically  consistent
approach. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 23(1):186—
197, January 2015. CO-
DEN 77?77  ISSN 2329-
9290.

Jensen:2016:API

Jesper Jensen and Cees H.
Taal. An algorithm
for predicting the in-
telligibility = of  speech
masked by modulated
noise maskers. IFEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 24(11):
2009-2022, 7777  2016.
CODEN 7777 ISSN 2329-
9290.

Jarrett:2014:NRS

D. P. Jarrett, M. Taseska,
E. A. P. Habets, and P. A.
Naylor. Noise reduction
in the spherical harmonic
domain using a trade-
off beamformer and nar-
rowband DOA estimates.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 22
(5):967-978, May 2014.
CODEN 7777 ISSN 2329-
9290.

Jaureguiberry:2016:FMS

Xabier Jaureguiberry,



REFERENCES

[JVWGD15]

[JWLF14]

[JYB*15]

Emmanuel Vincent, and
Gaél Richard. Fusion
methods for speech en-
hancement and audio
source separation. IEFE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 24(7):
1266-1279, July 2016.
CODEN 7777 ISSN 2329-
9290.

Jukic:2015:MCL

A. Jukic, T. van Wa-
terschoot, T. Gerkmann,
and S. Doclo. Multi-
channel linear prediction-
based speech dereverber-
ation with sparse priors.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(9):1509-1520, September
2015. CODEN 7777 ISSN
2329-9290.

Jiang:2014:BCR

Yi Jiang, Deliang Wang,
Runsheng Liu, and Zhen-
Ming Feng. Binaural
classification for reverber-
ant speech segregation us-
ing deep neural networks.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 22
(12):2112-2121, Decem-
ber 2014. CODEN 7777
ISSN 2329-9290.

Jia:2015:EMA

Maoshen Jia, Ziyu Yang,
Changchun Bao, Xiguang
Zheng, and C. Ritz. En-

[KA16]

[KAJC16]

[KB14]

93

coding multiple audio ob-
jects using intra-object
sparsity. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing,  23(6):1082—
1095, June 2015. CODEN
7777 ISSN 2329-9290.

Kates:2016:HA A

J. M. Kates and K. H.
Arehart. The Hearing-
Aid Audio Quality In-
dex (HAAQI). IFEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 24(2):
354-365, 7777 2016. CO-
DEN 7777  ISSN 2329-
9290.

Karimian-Azari:2016:CEN

Sam Karimian-Azari, Jes-
per Rindom Jensen, and
Mads Graesbgll Chris-
tensen. Computationally
efficient and noise robust
DOA and pitch estima-
tion. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Process-
ing, 24(9):1613-1625, 7777
2016. CODEN 77?7? ISSN
2329-9290.

Kelly:2014:DAR

I. J. Kelly and F. M.
Boland. Detecting arrivals
in room impulse responses
with dynamic time warp-
ing. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Process-
ing, 22(7):1139-1147, July



REFERENCES

2014. CODEN 7777 ISSN
2329-9290.

Krawczyk-Becker:2016:FF1I

[KBG16a)

Martin Krawczyk-Becker
and Timo Gerkmann.
Fundamental frequency
informed speech enhance-
ment in a flexible statis-
tical framework. IEFE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 24(5):
940-951, May 2016. CO-
DEN 7777  ISSN 2329-
9290.

Krawczyk-Becker:2016:MBE

[KBG16b)

Martin Krawczyk-Becker
and Timo Gerkmann. On
MMSE-based estimation
of amplitude and com-
plex speech spectral co-
efficients under phase-
uncertainty. IFEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 24(12):2251—
2262, 7777 2016. CODEN
7777 ISSN 2329-9290.

Kounades-Bastian:2016:VEA

[KBGAP*16]

[KBV16]

[KD16]

[KDJJ16]

Dionyssos Kounades-Bastian,|

Laurent Girin, Xavier
Alameda-Pineda, Sharon
Gannot, and Radu Ho-
raud. A variational EM
algorithm for the separa-
tion of time-varying con-
volutive audio mixtures.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 24
(8):1408-1423, 7777 2016.

94

CODEN 7777 ISSN 2329-
9290.

Khalilian:2016:CLP

Hanieh Khalilian, Ivan V.
Baji¢, and Rodney G.
Vaughan. Comparison
of loudspeaker placement
methods for sound field
reproduction. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 24(8):
1364-1379, 7777  2016.
CODEN 777? ISSN 2329-
9290.

Kodrasi:2016:JDIN

Ina Kodrasi and Simon
Doclo. Joint dereverber-
ation and noise reduc-
tion based on acoustic
multi-channel  equaliza-
tion. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
24(4):680-693, April 2016.
CODEN 7777 ISSN 2329-
9290.

Kuklasiuski:2016:MLP

Adam Kuklasinski, Si-
mon Doclo, Sgren Holdt
Jensen, and Jesper Jensen.|
Maximum likelihood PSD
estimation for speech en-
hancement in reverbera-
tion and noise. IFEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 24(9):
1599-1612, 7777  2016.
CODEN 777? ISSN 2329-
9290.



REFERENCES

[KDY14]

[KFH™ 14]

[KG14]

Khanagha:2014:DGC

V. Khanagha, K. Daoudi,
and H. M. Yahia. De-
tection of glottal closure
instants based on the
microcanonical multiscale
formalism. [FEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 22(12):1941-
1950, December 2014.
CODEN 77?77 ISSN 2329-
9290.

Koyama:2014:WFR

S. Koyama, K. Furuya,
Y. Hiwasaki, Y. Haneda,
and Y. Suzuki. Wave
field reconstruction fil-
tering in cylindrical har-
monic domain for with-
height recording and re-
production. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 22(10):1546—
1557, October 2014. CO-
DEN 7777  ISSN 2329-
9290.

Krawczyk:2014:SPR

[KG16]

[KGH*16]

M. Krawczyk and T. Gerk-] [KGP14]

mann. STFT phase recon-
struction in voiced speech
for an improved single-
channel speech enhance-
ment. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Process-
ing, 22(12):1931-1940,
December 2014. CODEN
7777 ISSN 2329-9290.

95

Kroher:2016:ATF

Nadine Kroher and Emilia
Gomez. Automatic tran-
scription  of  flamenco
singing from polyphonic
music recordings. IFEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 24(5):
901-913, May 2016. CO-
DEN 7777  ISSN 2329-
9290.

Kortlang:2016:AMB

Steffen Kortlang, Giso
Grimm, Volker Hohmann,
Birger Kollmeier, and
Stephan D. Ewert. Au-
ditory model-based dy-
namic compression con-
trolled by subband instan-
taneous frequency and
speech presence proba-
bility estimates. IFEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 24(10):
1759-1772, 7777 2016.
CODEN 7777 ISSN 2329-
9290.

Kallasjoki:2014:EUI

H. Kallasjoki, J. F.
Gemmeke, and K. J.
Palomaki. Estimating
uncertainty to improve
exemplar-based  feature
enhancement for noise
robust speech recogni-
tion. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
22(2):368-380, February



REFERENCES

[KH16]

[KHCW15]

[KJG16]

[KK14]

2014. CODEN 7777 ISSN
2329-9290.

Kelly:2016:SAC

Finnian Kelly and John
H. L. Hansen. Score-aging
calibration for speaker
verification. IFEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 24(12):2414~
2424, 7777 2016. CODEN
7777 ISSN 2329-9290.

Krebs:2015:IMS

F. Krebs, A. Holzapfel,
A.T. Cemgil, and G. Wid-
mer. Inferring metrical
structure in music using
particle filters.  IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 23(5):
817-827, May 2015. CO-
DEN 7777  ISSN 2329-
9290.

Kamper:2016:UWS

Herman Kamper, Aren
Jansen, and Sharon Gold-
water. Unsupervised word
segmentation and lexicon
discovery using acoustic
word embeddings. IEFE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 24(4):
669-679, April 2016. CO-
DEN 7777  ISSN 2329-
9290.

Kim:2014:DAB

Seon Man Kim and

Hong Kook Kim. Direction-}

[KKGH16]

[KKK15]

[KMG15]

96

of-arrival based SNR esti-
mation for dual-microphone]
speech enhancement. IEEE /]
ACM  Transactions on
Audio, Speech, and Lan-
guage  Processing, 22
(12):2207-2217, Decem-
ber 2014. CODEN 7777
ISSN 2329-9290.

Koutrouvelis:2016:FMH

A. 1. Koutrouvelis, G. P.
Kafentzis, N. D. Gaubitch,]
and R. Heusdens. A
fast method for high-
resolution voiced /unvoiced]
detection and glottal clo-
sure/opening instant esti-
mation of speech. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 24(2):
316-328, 7777 2016. CO-
DEN 7777  ISSN 2329-
9290.

Kim:2015:ATA

Myung Jong Kim, Young-

gwan Kim, and Hoirin

Kim.  Automatic intel-

ligibility —assessment of
dysarthric speech using

phonologically-structured

sparse linear model. IEEEA
ACM  Transactions on
Audio, Speech, and Lan-

guage Processing, 23(4):

694-704, April 2015. CO-

DEN 7777  ISSN 2329-

9290.

Koldovsky:2015:SSS

Z. Koldovsky, J. Malek,
and S. Gannot. Spatial



REFERENCES

[KOS*16]

[KPH15]

[KS16]

source subtraction based
on incomplete measure-
ments of relative trans-
fer function. IFEE/ACM
Transactions on Audio,
Speech, and Language
Processing,  23(8):1335—
1347, August 2015. CO-
DEN 7777 ISSN 2329-
9290.

Kitamura:2016:DBS

Daichi Kitamura, Nobu-
taka Ono, Hiroshi Sawada,
Hirokazu Kameoka, and
Hiroshi Saruwatari. De-
termined blind source sep-
aration unifying indepen-
dent vector analysis and
nonnegative matrix fac-
torization. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing,  24(9):1626—
1641, 7777 2016. CODEN
7777 ISSN 2329-9290.

Khoubrouy:2015:HDH

S. A. Khoubrouy, I. M. S.
Panahi, and J. H. L.
Hansen. Howling detec-
tion in hearing aids based
on generalized Teager—
Kaiser operator. IEFE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 23(1):
154-161, January 2015.
CODEN 7777 ISSN 2329-
9290.

Kim:2016:PNC

[KSK*15]

[KYI+15]

[LAK16]

Chanwoo Kim and Richard M.

Stern. Power-normalized

97

cepstral coefficients (PNCC)]
for robust speech recogni-
tion. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Process-
ing, 24(7):1315-1329, July
2016. CODEN 77?7? ISSN
2329-9290.

Kitamura:2015:MSS

D. Kitamura, H. Saruwatari,]
H. Kameoka, Yu. Taka-
hashi, K. Kondo, and
S. Nakamura. Multichan-
nel signal separation com-
bining directional clus-
tering and nonnegative
matrix factorization with
spectrogram restoration.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(4):654-669, April 2015.
CODEN 777? ISSN 2329-
9290.

Kameoka:2015:GMV

H. Kameoka, K. Yoshizato,]
T. Ishihara, K. Kad-
owaki, Y. Ohishi, and
K. Kashino. Generative
modeling of voice fun-
damental frequency con-
tours. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
23(6):1042-1053, June
2015. CODEN 7777 ISSN
2329-9290.

Li:2016:SSA

Sheng Li, Yuya Akita,
and Tatsuya Kawahara.
Semi-supervised acoustic



REFERENCES

[LB16]

[LBR16]

[LC16a]

model training by dis-
criminative data selection
from multiple ASR sys-
tems’ hypotheses. IEFE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 24(9):
1524-1534, 7777 2016.
CODEN 7777 ISSN 2329-
9290.

Liu:2016:ABE

Xin Liu and Changchun
Bao. Audio bandwidth ex-
tension based on ensem-
ble echo state networks
with temporal evolution.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 24
(3):594-607, March 2016.
CODEN 7777 ISSN 2329-
9290.

Leglaive:2016:MAS

Simon Leglaive, Roland
Badeau, and Gagl Richard.|
Multichannel audio source
separation with proba-
bilistic reverberation pri-
ors. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
24(12):2453-2465, 7777
2016. CODEN 7777 ISSN
2329-9290.

Lee:2016:PLC

Bong-Ki Lee and Joon-
Hyuk Chang. Packet
loss concealment based on
deep neural networks for
digital speech transmis-
sion. IEEE/ACM Trans-

[LC16b)]

[LCC*15]

[LCW+16]

98

actions on Audio, Speech,
and Language Processing,
24(2):378-387, 7777 2016.
CODEN 77?7? ISSN 2329-
9290.

Liu:2016:ACM

Jinxin Liu and Xuefeng
Chen. Adaptive com-
pensation of misequaliza-
tion in narrowband ac-
tive noise equalizer sys-
tems. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
24(12):2390-2399,  777?
2016. CODEN 77?7? ISSN
2329-9290.

Liu:2015:CRL

Shih-Hung Liu, Kuan-Yu
Chen, B. Chen, Hsin-
Min Wang, Hsu-Chun
Yen, and Wen-Lian Hsu.
Combining relevance lan-
guage modeling and clar-
ity measure for extrac-
tive speech summariza-
tion. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
23(6):957-969, June 2015.
CODEN 777? ISSN 2329-
9290.

Liu:2016:TEL

Xunying Liu, Xie Chen,
Yongqgiang Wang, Mark
J. F. Gales, and Philip C.
Woodland. Two efficient
lattice rescoring meth-
ods using recurrent neural
network language models.
IEEE/ACM Transactions



REFERENCES

[LCWC16]

[LD16]

[LDGHU14]

on Audio, Speech, and
Language Processing, 24
(8):1438-1449, 7777 2016.
CODEN 7777 ISSN 2329-
9290.

Liao:2016:SAS

I-Bin  Liao, Chen-Yu
Chiang, Yih-Ru Wang,
and Sin-Horng  Chen.
Speaker adaptation of
SR-HPM for speaking
rate-controlled Mandarin
TTS. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
24(11):2046-2058, 7777
2016. CODEN ?77?7? ISSN
2329-9290.

Li:2016:ASF

Bochen Li and Zhiyao
Duan. An approach to
score following for piano
performances with the
sustained effect. IEFE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 24(12):
2425-2438, 7777  2016.
CODEN 7777 ISSN 2329-
9290.

Li:2014:ONR

Jinyu Li, Li Deng, Yi-
fan Gong, and R. Haeb-
Umbach.  An overview
of  noise-robust  auto-
matic speech recognition.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 22
(4):745-777, April 2014.

[LFADG14]

[LFH*15]

[LG16]

99

CODEN 7777 ISSN 2329-
9290.

Lorente:2014:GIM

J. Lorente, M. Ferrer,
M. de Diego, and A. Gon-
zalez. GPU implementa-
tion of multichannel adap-
tive algorithms for lo-
cal active noise control.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 22
(11):1624-1635, Novem-
ber 2014. CODEN 7777
ISSN 2329-9290.

Li:2015:ISS

H. Li, M. Federico, X. He,
H. Meng, and I. Tran-
coso. Introduction to the
special section on con-
tinuous space and re-
lated methods in natu-
ral language processing.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(3):427-430, March 2015.
CODEN 777? ISSN 2329-
9290.

Liu:2016:PAF

Jianming Liu and Steven L.]
Grant. Proportion-
ate adaptive filtering for
block-sparse system iden-
tification. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 24(4):623~
630, April 2016. CODEN
7777 ISSN 2329-9290.



REFERENCES

[LGR14]

Lu:2014:CLS

Liang Lu, A. Ghoshal,
and S. Renals. Cross-
lingual subspace Gaussian
mixture models for low-
resource speech recogni-
tion. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Process-
ing, 22(1):17-27, January
2014. CODEN 77?77 ISSN
2329-9290.

Laufer-Goldshtein:2016:SSS

[LGTG16]

[LH14]

[LHD16]

Bracha Laufer-Goldshtein,]
Ronen Talmon, and Sharon]
Gannot. Semi-supervised

sound source localization

based on manifold regu-

larization.  IEFEE/ACM

Transactions on Audio,

Speech, and Language

Processing,  24(8):1393—

1407, 7777 2016. CODEN

7777 ISSN 2329-9290.

Liu:2014:IBE

Gang Liu and J. H. L.
Hansen. An investigation
into back-end advance-
ments for speaker recogni-
tion in multi-session and
noisy enrollment scenar-
ios. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Process-
ing, 22(12):1978-1992,
December 2014. CODEN
7777 ISSN 2329-9290.

Leijon:2016:BAP

Arne Leijon, Gustav Eje

[Li15]

[LIX+16]

[LK16]

Henter, and Martin Dahlquist.l

100

Bayesian analysis of phoneme]

confusion matrices. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 24(3):
469-482, March 2016.
CODEN 7777 ISSN 2329-
9290.

Li:2015:IEE

H Li. Inaugural edito-
rial: Embracing new op-
portunities for growth.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(1):5-6, January 2015.
CODEN 7777 ISSN 2329-
9290.

Lin:2016:UCL

Zheng Lin, Xiaolong Jin,
Xueke Xu, Yuanzhuo
Wang, Xueqi Cheng,
Weiping Wang, and Dan
Meng. An unsupervised
cross-lingual topic model
framework for sentiment
classification. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 24(3):
432-444, March 2016.
CODEN 777? ISSN 2329-
9290.

Liu:2016:GBS

Yuzong Liu and Katrin
Kirchhoff.  Graph-based
semisupervised learning
for acoustic modeling in
automatic speech recogni-
tion. IEEE/ACM Trans-
actions on Audio, Speech,



REFERENCES

[LKHU14]

[LLR*16]

[LLWJ16]

and Language Processing,
24(11):1946-1956, 7777
2016. CODEN 7777 ISSN
2329-9290.

Leutnant:2014:NOM

V. Leutnant, A. Krueger,
and R. Haeb-Umbach. A
new observation model in
the logarithmic mel power
spectral domain for the
automatic recognition of
noisy reverberant speech.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 22
(1):95-109, January 2014.
CODEN 77?77 ISSN 2329-
9290.

Lafay:2016:MMS

Grégoire Lafay, Math-
ieu Lagrange, Mathias
Rossignol, Emmanouil
Benetos, and Axel Roebel.
A morphological model
for simulating acoustic
scenes and its applica-
tion to sound event detec-
tion. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
24(10):1854-1864, 7777
2016. CODEN 77?77 ISSN
2329-9290.

Liu:2016:RCM

Yang Liu, Sujian Li, Furu
Wei, and Heng Ji. Re-
lation classification via
modeling augmented de-
pendency paths. IEFEE/
ACM  Transactions on
Audio, Speech, and Lan-

[LM15]

101

guage Processing, 24(9):
1589-1598, 7777 2016.
CODEN ?77? ISSN 2329-
9290.

Li:2015:SIP

Na Li and Man-Wai
Mak. SNR-invariant
PLDA modeling in non-
parametric subspace for
robust speaker verifica-
tion. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
23(10):1648-1659, Octo-
ber 2015. CODEN 7777
ISSN 2329-9290.

Lacouture-Parodi:2014:MNR

[LPHCB14]

[LS14a]

Y. Lacouture-Parodi, E. A.

Habets, Jingdong Chen,
and J. Benesty. Multi-
channel noise reduction in
the Karhunen—Loeve ex-
pansion domain. IFEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 22(5):
923-936, May 2014. CO-
DEN 77?7  ISSN 2329-
9290.

Li:2014:SMA

Bo Li and Khe Chai Sim.
A spectral masking ap-
proach to noise-robust
speech recognition us-
ing deep neural networks.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 22
(8):1296-1305, August
2014. CODEN 7777 ISSN
2329-9290.

P



REFERENCES

[LS14b)]

[LSH14]

[LWZ+14]

Liu:2014:TVW

Shilin Liu and Khe Chai
Sim.  Temporally vary-
ing weight regression:
A semi-parametric tra-
jectory model for au-
tomatic speech recogni-
tion. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
22(1):151-160,  January
2014. CODEN 7777 ISSN
2329-9290.

Lun:2014:NEM

D. P. K. Lun, Tak-
Wai Shen, and K. C.
Ho. A novel expectation-
maximization framework
for speech enhancement
in non-stationary noise
environments. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 22(2):
335-346, February 2014.
CODEN 7777 ISSN 2329-
9290.

Li:2014:FMM
Weifeng Li, Longbiao
Wang,  Yicong Zhou,

J. Dines, M. Magimai-
Doss, H. Bourlard, and
Qingmin Liao. Fea-
ture mapping of multi-
ple beamformed sources
for robust overlapping
speech recognition us-
ing a microphone array.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 22

[LWZZ16]

[LYN14]

[LZ16]

102

(12):2244-2255, Decem-
ber 2014. CODEN 7777
ISSN 2329-9290.

Li:2016:ISU

Lantian Li, Dong Wang,
Chenhao Zhang, and
Thomas Fang Zheng.
Improving short utter-
ance speaker recognition
by modeling speech unit
classes. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing,  24(6):1129-
1139, June 2016. CODEN
7777 ISSN 2329-9290.

Li:2014:IBD

Zhibao Li, K. F. C. Yiu,
and S. Nordholm. On
the indoor beamformer
design with reverbera-
tion. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
22(8):1225-1235, August
2014. CODEN 7777 ISSN
2329-9290.

Li:2016:JAI

Peifeng Li and Guodong
Zhou. Joint argument in-
ference in Chinese event
extraction with argu-
ment consistency and
event relevance. IFEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 24(4):
612-622, April 2016. CO-
DEN 7777  ISSN 2329-
9290.



REFERENCES

[LZC*14]

[LZHN14]

[MAB*16]

Li:2014:J0C

Zhenghua Li, Min Zhang,
Wanxiang Che, Ting Liu,
and Wenliang Chen. Joint
optimization for Chinese
POS tagging and depen-
dency parsing. IEFE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 22(1):
274-286, January 2014.
CODEN 7777 ISSN 2329-
9290.

Lim:2014:RMD

F. Lim, Wancheng Zhang,
E. A. P. Habets, and
P. A. Naylor. Robust
multichannel dereverbera-
tion using relaxed mul-
tichannel least squares.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 22
(9):1379-1390, September
2014. CODEN 7777 ISSN
2329-9290.

Markovic:2016:EAS

Dejan Markovié, Fabio
Antonacci, Lucio Bianchi,
Stefano Tubaro, and Au-
gusto Sarti. Extraction of
acoustic sources through
the processing of sound
field maps in the ray
space. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
24(12):2481-2494, 7777
2016. CODEN ?77?7? ISSN
2329-9290.

[MAK15]

[MAP14]

[MAST15]

103

Moritz:2015:AIA

N. Moritz, J. Anemuller,
and B. Kollmeier. An
auditory inspired am-
plitude modulation fil-
ter bank for robust fea-
ture extraction in auto-
matic speech recognition.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(11):1926-1937, Novem-
ber 2015. CODEN 7777
ISSN 2329-9290.

Mantena:2014:QES

G. Mantena, S. Achanta,
and K. Prahallad. Query-
by-example spoken term
detection using frequency
domain linear predic-
tion and non-segmental
dynamic time warping.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 22
(5):946-955, May 2014.
CODEN 7777 ISSN 2329-
9290.

Markovic:2015:MSI

Dejan Markovié, Fabio
Antonacci, Augusto Sarti,
and Stefano Tubaro. Mul-
tiview soundfield imag-
ing in the projective ray
space. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
23(6):1054-1067, June
2015. CODEN 7777 ISSN
2329-9290.



REFERENCES

[MAT15]

[MBD+15]

[MBM15]

Momeni:2015:JDE

H. Momeni, H. R. Abu-
talebi, and A. Tadaion.
Joint detection and es-
timation of speech spec-
tral amplitude using non-
continuous gain functions.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(8):1249-1258, August
2015. CODEN 77?77 ISSN
2329-9290.

Morchid:2015:CMR

M. Morchid, M. Boual-

[MBTB14]

[MCD14]

legue, R. Dufour, G. Linares,|

D. Matrouf, and R. De
Mori. Compact multiview
representation of docu-
ments based on the total
variability space. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 23(8):
1295-1308, August 2015.
CODEN 77?77 ISSN 2329-
9290.

Marelli:2015:EAH

D. Marelli, R. Baum-
gartner, and P. Majdak.
Efficient  approximation
of head-related transfer
functions in subbands for
accurate sound localiza-
tion. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Process-
ing, 23(7):1130-1143, July
2015. CODEN 7?77?77 ISSN
2329-9290.

[McL14]

[MD16]

104

Molina:2014:DRP

E. Molina, A. M. Barban-
cho, L. J. Tardon, and
I. Barbancho. Dissonance
reduction in polyphonic
audio using harmonic re-
organization. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 22(2):
325-334, February 2014.
CODEN 7777 ISSN 2329-
9290.

Mignot:2014:LFI

R. Mignot, G. Chardon,
and L. Daudet. Low fre-
quency interpolation of
room impulse responses
using compressed sens-
ing. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
22(1):205-216,  January
2014. CODEN 77?7? ISSN
2329-9290.

McLoughlin:2014:SAV

I. V. McLoughlin. Super-
audible voice activity de-
tection. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing,  22(9):1424—
1433, September 2014.
CODEN 777? ISSN 2329-
9290.

Mohammadiha:2016:SDU

N. Mohammadiha and
S. Doclo. Speech dere-
verberation using non-
negative convolutive trans-}



REFERENCES

[MDM15]

[MDY15]

[MFG15]

fer function and spectro-
temporal modeling. IEEE
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 24(2):
276289, 7777 2016. CO-
DEN 7777  ISSN 2329-
9290.

Morfi:2015:SAS

V. Morfi, G. Degot-
tex, and A. Mouchtaris.
Speech analysis and syn-
thesis with a computa-
tionally efficient adap-
tive  harmonic model.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(11):1950-1962, Novem-
ber 2015. CODEN 7777
ISSN 2329-9290.

Mesnil:2015:URN

G. Mesnil, Y. Dauphin,
Kaisheng Yao, Y. Bengio,
Li Deng, D. Hakkani-Tur,
Xijaodong He, L. Heck,
G. Tur, Dong Yu, and
G. Zweig. Using re-
current neural networks
for slot filling in spoken
language understanding.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(3):530-539, March 2015.
CODEN 7777 ISSN 2329-
9290.

McVicar:2015:ACA

M. McVicar, S. Fukayama,]
and M. Goto. AutoGui-
tarTab: Computer-aided

105

composition of rhythm
and lead guitar parts
in the tablature space.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(7):1105-1117, July 2015.
CODEN 77?7? ISSN 2329-
9290.

Mu:2015:0AM

[MGT15] Hao Mu, Woon-Seng Gan,
and Ee-Leng Tan. An
objective analysis method
for perceptual quality of
a virtual Bass system.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(5):840-850, May 2015.
CODEN 7777 ISSN 2329-
9290.

Mirsamadi:2016:GNT

[MH16] Seyedmahdad Mirsamadi
and John H. L. Hansen.
A generalized nonneg-
ative tensor factoriza-
tion approach for dis-
tant speech recognition
with distributed micro-
phones. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 24(10):1721—
1731, 7777 2016. CODEN
7777 ISSN 2329-9290.

Martinez-Hinarejos:2015:UDA

[MHBT15] C.-D. Martinez-Hinarejos,
J.-M. Benedi, and V. Tamarit.]
Unsegmented dialogue act
annotation and decoding
with N-gram transduc-



REFERENCES

[MHD15]

[MHGD15]

[MHPB15]

ers. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
23(1):198-211,  January
2015. CODEN 7777 ISSN
2329-9290.

Marquardt:2015:ICP

D. Marquardt, V. Hohmann,|

and S. Doclo. Interau-
ral coherence preservation
in multi-channel Wiener
filtering-based noise re-
duction for binaural hear-
ing aids. IEFE/ACM
Transactions on Audio,
Speech, and Language
Processing, 23(12):2162—
2176, December 2015.
CODEN 7777 ISSN 2329-
9290.

Marquardt:2015:TAL

D. Marquardt, E. Hadad,
S. Gannot, and S. Do-
clo.  Theoretical analy-
sis of linearly constrained
multi-channel Wiener fil-
tering algorithms for com-
bined noise reduction and
binaural cue preservation
in binaural hearing aids.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(12):2384-2397, Decem-
ber 2015. CODEN 7777
ISSN 2329-9290.

Meyer:2015:DDC

T. Meyer, N. Hajlaoui,
and A. Popescu-Belis.
Disambiguating discourse
connectives for statisti-

[MIYO14]

[MJJ*+14]

[MJZ15]

106

cal machine translation.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(7):1184-1197, July 2015.
CODEN 77?7? ISSN 2329-
9290.

Maezawa:2014:NBD

A. Maezawa, K. Itoyama,
K. Yoshii, and H. G.
Okuno.  Nonparametric
Bayesian dereverberation
of power spectrograms
based on infinite-order
autoregressive processes.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 22
(12):1918-1930, Decem-
ber 2014. CODEN 7777
ISSN 2329-9290.

Mu:2014:MCD

Yongsheng Mu, Peifeng
Ji, Wei Ji, Ming Wu,
and Jun Yang. Modeling
and compensation for the
distortion of parametric
loudspeakers using a one-
dimension Volterra filter.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 22
(12):2169-2181, Decem-
ber 2014. CODEN 7777
ISSN 2329-9290.

Mamun:2015:PSI

N. Mamun, W. A. Jas-
sim, and M. S. A. Zilany.
Prediction of speech in-
telligibility using a neu-
rogram orthogonal poly-



REFERENCES

nomial measure (NOPM).
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(4):760-773, April 2015.
CODEN 7777 ISSN 2329-
9290.

Mansikkaniemi:2015:AMB

[MK15a]

[MK15b]

[MK15¢]|

A. Mansikkaniemi and
M. Kurimo. Adaptation
of morph-based speech
recognition for foreign
names and acronyms.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(5):941-950, May 2015.
CODEN 7777 ISSN 2329-
9290.

Mowlaee:2015:HPE

P. Mowlaee and J. Kul-
mer. Harmonic phase es-
timation in single-channel
speech enhancement us-
ing phase decomposition
and SNR information.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(9):1521-1532, September
2015. CODEN 7777 ISSN
2329-9290.

Mowlaee:2015:PES

P. Mowlaee and J. Kul-
mer. Phase estimation
in single-channel speech
enhancement: Limits-
potential. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing,  23(8):1283—

[MK16]

[MKA14]

[MKA16]

107

1294, August 2015. CO-
DEN 7777  ISSN 2329-
9290.

Movassagh:2016:SAC

Mahmood Movassagh and
Peter Kabal. Scalable au-
dio coding using Trellis-
based optimized joint en-
tropy coding and quan-
tization. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 24(12):2283—
2300, 7777 2016. CODEN
7777 ISSN 2329-9290.

Markovic:2014:EAR

D. Markovic, K. Kowal-
czyk, F. Antonacci, C. Hof-]
mann, A. Sarti, and
W. Kellermann. Esti-
mation of acoustic reflec-
tion coeflicients through
pseudospectrum  match-
ing. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
22(1):125-137,  January
2014. CODEN 7777 ISSN
2329-9290.

Moritz:2016:10M

Niko Moritz, Birger Kollmeier,]

and Jorn Anemiiller. Inte-
gration of optimized mod-
ulation filter sets into deep
neural networks for au-
tomatic speech recogni-
tion. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
24(12):2439-2452,  777?



REFERENCES

2016. CODEN 7777 ISSN
2329-9290.

Mezghani-Marrakchi:2014:NNAS

[MMMDL™ 14]

[MP16]

[MPAEBLBI15]

I.  Mezghani-Marrakchi,
G. Mahe, S. Djaziri-Larbi,
M. Jaidane, and M. Turki-
Hadj Alouane. Nonlinear
audio systems identifica-
tion through audio input
Gaussianization. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 22(1):
41-53, January 2014. CO-
DEN 7777  ISSN 2329-
9290.

Marxer:2016:UIO

Ricard Marxer and Hen-
drik Purwins. Unsu-
pervised incremental on-
line learning and predic-
tion of musical audio sig-
nals. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
24(5):863-874, May 2016.
CODEN 77?77 ISSN 2329-
9290.

Mai:2015:REN

Van-Khanh Mai, D. Pas-
tor, A. Aissa-El-Bey, and
R. Le-Bidan. Robust esti-
mation of non-stationary
noise power spectrum
for speech enhancement.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(4):670-682, April 2015.
CODEN 77?77 ISSN 2329-
9290.

[MPC16)]

[MSD14]

[MSFK15]

108

Mak:2016:MPN

Man-Wai Mak, Xiaomin
Pang, and Jen-Tzung
Chien. Mixture of
PLDA for noise robust
I-vector speaker verifica-
tion. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
24(1):130-142,  January
2016. CODEN 77?7? ISSN
2329-9290.

Mohammadi:2014:ESA

A. Mohammadi, S. S. Sar-
fjoo, and C. Demiroglu.
Eigenvoice speaker adap-
tation with minimal data
for  statistical  speech
synthesis  systems us-
ing a MAP approach
and nearest-neighbors.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 22
(12):2146-2157, Decem-
ber 2014. CODEN 7777
ISSN 2329-9290.

Matsuyama:2015:AEO

Y. Matsuyama, A. Saito,
S. Fujie, and T. Kobayashi.l
Automatic expressive opin-|
ion sentence generation
for enjoyable conversa-
tional systems. IFEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 23(2):
313-326, February 2015.
CODEN 7777 ISSN 2329-
9290.



REFERENCES

[MSRND14]

[MTBB15]

[MV14]

[MVHI16]

McVicar:2014:ACE

M. McVicar, R. Santos-
Rodriguez, Yizhao Ni,
and Tijl De Bie. Au-
tomatic chord estima-
tion from audio: A re-
view of the state of the
art. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
22(2):556-575, February
2014. CODEN 7777 ISSN
2329-9290.

Molina:2015:SST

E. Molina, L. J. Tar-
don, A. M. Barban-
cho, and I. Barbancho.
SiPTH: Singing transcrip-
tion based on hysteresis
defined on the pitch-time
curve. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
23(2):252-263, February
2015. CODEN 7?77?77 ISSN
2329-9290.

Masiero:2014:FCD

B. Masiero and M. Vor-
lander. A framework for
the calculation of dynamic
crosstalk cancellation fil-
ters. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
22(9):1345-1354, Septem-
ber 2014. CODEN 7777
ISSN 2329-9290.

Mehta:2016:RBV

Daryush D. Mehta, Jar-
rad H. Van Stan, and

[MWT16]

[MZM15]

[MZX+15]

109

Robert E. Hillman. Re-
lationships between vocal
function measures derived
from an acoustic micro-
phone and a subglottal
neck-surface accelerome-
ter. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
24(4):659-668, April 2016.
CODEN 7777 ISSN 2329-
9290.

Ma:2016:SWM

Xi Ma, Dong Wang, and
Javier Tejedor. Simi-
lar word model for un-
frequent word enhance-
ment in speech recogni-
tion. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
24(10):1819-1830, 7777
2016. CODEN 77?7? ISSN
2329-9290.

Miao:2015:SAT

Yajie Miao, Hao Zhang,
and F. Metze. Speaker
adaptive training of deep
neural network acoustic
models using [-vectors.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(11):1938-1949, Novem-
ber 2015. CODEN 7777
ISSN 2329-9290.

McLoughlin:2015:RSE

I. McLoughlin, Haomin
Zhang, Zhipeng Xie, Yan
Song, and Wei Xiao. Ro-
bust sound event classi-



REFERENCES

[NCC15]

[NHK16]

[NJC16a]

fication using deep neu-
ral networks. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 23(3):
540-552, March 2015.
CODEN 7777 ISSN 2329-
9290.

Niedzwiecki:2015:EID

M. Niedzwiecki, M. Ciolek,]
and K. Cisowski. Elim-
ination of impulsive dis-
turbances from stereo au-
dio recordings using vec-
tor autoregressive mod-
eling and variable-order
Kalman filtering. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 23(6):
970-981, June 2015. CO-
DEN 7777  ISSN 2329-
9290.

Niwa:2016:0OMA

Kenta Niwa,  Yusuke
Hioka, and Kazunori
Kobayashi. Optimal mi-
crophone array observa-
tion for clear record-
ing of distant sound
sources. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 24(10):1785—
1795, 7777 2016. CODEN
7777 ISSN 2329-9290.

Norholm:2016:ENS

Sidsel Marie Ngrholm,
Jesper Rindom Jensen,
and Mads Graesbgll Chris-
tensen. Enhancement

[NJC16b)]

[NLV16]

[NNL15]

110

and noise statistics esti-
mation for non-stationary
voiced speech. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 24(4):
645-658, April 2016. CO-
DEN 77?77  ISSN 2329-
9290.

Norholm:2016:IFF

Sidsel Marie Ngrholm,
Jesper Rindom Jensen,
and Mads Graesbgll Chris-
tensen. Instantaneous
fundamental frequency es-
timation with optimal seg-
mentation for nonstation-
ary voiced speech. IFEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 24(12):
2354-2367, 7777 2016.
CODEN 777? ISSN 2329-
9290.

Nugraha:2016:MAS

Aditya Arie Nugraha, An-
toine Liutkus, and Em-
manuel Vincent. Multi-
channel audio source sep-
aration with deep neu-
ral networks. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 24(9):
1652-1664, 7777  2016.
CODEN 7777 ISSN 2329-
9290.

Nielsen:2015:PBP

J. B. B. Nielsen, J. Nielsen,]
and J. Larsen. Perception-
based personalization of



REFERENCES

[NNS16]

[Non14]

[Nos16]

hearing aids using Gaus-
sian processes and ac-
tive learning. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 23(1):
162-173, January 2015.
CODEN 7777 ISSN 2329-
9290.

Nakamura:2016:RTA

T. Nakamura, E. Naka-
mura, and S. Sagayama.
Real-time audio-to-score
alignment of music perfor-
mances containing errors
and arbitrary repeats and
skips. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
24(2):329-339, 7777 2016.
CODEN 77?77 ISSN 2329-
9290.

Nongpiur:2014:DMB

R. C. Nongpiur. Design
of minimax broadband
beamformers that are ro-
bust to microphone gain,
phase, and position errors.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 22
(6):1013-1022, June 2014.
CODEN 7777 ISSN 2329-
9290.

Nose:2016:EIG

Takashi Nose. Efficient
implementation of global
variance compensation for
parametric speech synthe-
sis. IEEE/ACM Trans-
actions on Audio, Speech,

[NR14a]

[NR14b)

[NRCR14]

111

and Language Processing,
24(10):1694-1704,  ?777?
2016. CODEN 77?7? ISSN
2329-9290.

Nadiri:2014:LMS

O. Nadiri and B. Rafaely.
Localization of multiple
speakers under high rever-
beration using a spheri-
cal microphone array and
the direct-path dominance
test. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
22(10):1494-1505, Octo-
ber 2014. CODEN 7777
ISSN 2329-9290.

Nanjundaswamy:2014:CLT

T. Nanjundaswamy and
K. Rose. Cascaded long
term prediction for en-
hanced compression of
polyphonic audio signals.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 22
(3):697-710, March 2014.
CODEN 7777 ISSN 2329-
9290.

Novotny:2014:AEA

Michal Novotny, Jan
Rusz, Roman Cmejla, and
Evzen Ruzicka.  Auto-
matic evaluation of articu-
latory disorders in Parkin-
son’s disease. IEFE/ACM
Transactions on Audio,
Speech, and Language
Processing,  22(9):1366—
1378, September 2014.



REFERENCES

[NTA15]

[NTM16]

[NV14]

CODEN 7777 ISSN 2329-
9290.

Nakashika:2015:VCU

T. Nakashika, T. Takiguchi ]

and Y. Ariki. Voice con-
version using RNN pre-
trained by recurrent tem-
poral restricted Boltz-
mann machines. IEFE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 23(3):
580-587, March 2015.
CODEN 7777 ISSN 2329-
9290.

Nakashika:2016:NPT

Toru Nakashika, Tetsuya
Takiguchi, and Yasuhiro
Minami. Non-parallel
training in voice conver-
sion using an adaptive re-
stricted Boltzmann ma-
chine. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
24(11):2032-2045, 7777
2016. CODEN 7777 ISSN
2329-9290.

Nikunen:2014:DAB

J. Nikunen and T. Vir-
tanen. Direction of ar-
rival based spatial co-
variance model for blind
sound source separation.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 22
(3):727-739, March 2014.
CODEN 7777 ISSN 2329-
9290.

[NW14]

[NW15]

[NWM16]

[NXCL16]

112

Narayanan:2014:ISS

A. Narayanan and Deliang
Wang. Investigation of
speech separation as a
front-end for noise ro-
bust speech recognition.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 22
(4):826-835, April 2014.
CODEN 7777 ISSN 2329-
9290.

Narayanan:2015:IRD

A. Narayanan and Deliang
Wang. Improving ro-
bustness of deep neural
network acoustic models
via speech separation and
joint adaptive training.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(1):92-101, January 2015.
CODEN ?777? ISSN 2329-
9290.

Nagathil:2016:SCR

Anil  Nagathil, Claus
Weihs, and Rainer Mar-
tin.  Spectral complex-
ity reduction of music sig-
nals for mitigating effects
of cochlear hearing loss.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 24
(3):445-458, March 2016.
CODEN 7777 ISSN 2329-
9290.

Nguyen:2016:FAU

Duc Hoang Ha Nguyen,



REFERENCES

[ODG16]

[ODSM16]

[0G14]

Xiong Xiao, Eng Siong
Chng, and Haizhou Li.
Feature adaptation using
linear  spectro-temporal
transform  for  robust
speech recognition. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 24(6):
1006-1019, June 2016.
CODEN 7777 ISSN 2329-
9290.

Ouali:2016:FAF

Chahid Ouali, Pierre Du-
mouchel, and Vishwa
Gupta. Fast audio fin-
gerprinting system using
GPU and a clustering-
based technique. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 24(6):
11061118, June 2016.
CODEN 7777 ISSN 2329-
9290.

Ouchi:2016:TBD

Hiroki  Ouchi, Kevin
Duh, Hiroyuki Shindo,
and Yuji Matsumoto.

Transition-based depen-
dency parsing exploiting
supertags. IFEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 24(11):2059—
2068, 7777 2016. CODEN
7777 ISSN 2329-9290.

Osterwise:2014:DFD

C. Osterwise and S. L.
Grant. On over-determinedll
frequency domain BSS.

[OHN16]

[0ISO14]

[OTY+14]

113

IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 22
(5):956-966, May 2014.
CODEN 7777 ISSN 2329-
9290.

Ogawa:2016:ESR

Atsunori Ogawa, Takaaki
Hori, and Atsushi Naka-
mura. Estimating speech
recognition accuracy based]
on error type classifica-
tion. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
24(12):2400-2413, 7777
2016. CODEN 7777 ISSN
2329-9290.

Otsuka:2014:BNM

T. Otsuka, K. Ishig-
uro, H. Sawada, and
H. G. Okuno. Bayesian

nonparametrics for mi-
crophone array process-
ing. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
22(2):493-504, February
2014. CODEN 7777 ISSN
2329-9290.

Otsuka:2014:MSS

T. Otsuka, K. Ishiguro,
T. Yoshioka, H. Sawada,
and H. G. Okuno. Mul-
tichannel sound source
dereverberation and sep-
aration for arbitrary num-
ber of sources based on
Bayesian nonparametrics.
IEEE/ACM Transactions
on Audio, Speech, and



REFERENCES

[OL15]

[ONKP16]

[OR164]

Language Processing, 22
(12):2218-2232, Decem-
ber 2014. CODEN 7777
ISSN 2329-9290.

Obin:2015:SMP

N. Obin and P. Lan-
chantin. Symbolic mod-
eling of prosody: From
linguistics to statistics.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(3):588-599, March 2015.
CODEN 7777 ISSN 2329-
9290.

OHanlon:2016:NNG

Ken O’Hanlon, Hidehisa
Nagano, Nicolas Keriven,
and Mark D. Plumbley.
Non-negative group spar-
sity with subspace note
modelling for polyphonic
transcription. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 24(3):
530-542, March 2016.
CODEN 7777 ISSN 2329-
9290.

Obin:2016:SSA

Nicolas Obin and Axel
Roebel. Similarity search
of acted voices for au-
tomatic voice casting.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 24
(9):1642-1651, 7777 2016.
CODEN 7777 ISSN 2329-
9290.

[OR16b]

[OWA15]

[PBC16]

[PBQ15]

114

OLeary:2016:MAS

Sean O’Leary and Axel
Robel. A montage ap-
proach to sound texture
synthesis. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing,  24(6):1094—
1105, June 2016. CODEN
7777 ISSN 2329-9290.

Okopal:2015:SAS

G. Okopal, S. Wisdom,
and L. Atlas. Speech
analysis with the strong
uncorrelating transform.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(11):1858-1868, Novem-
ber 2015. CODEN 7777
ISSN 2329-9290.

Pan:2016:DDP

Chao Pan, J. Benesty,
and Jingdong Chen. De-
sign of directivity pat-
terns with a unique null
of maximum multiplicity.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 24
(2):226-235, 7777 2016.
CODEN 7777 ISSN 2329-
9290.

Poignant:2015:USI

J. Poignant, L. Besacier,
and G. Quénot. Unsu-
pervised speaker identifi-
cation in TV broadcast

based on written names.
IEEE/ACM Transactions



REFERENCES

[PCB14]

[PCB15]

[PCB16a]

on Audio, Speech, and
Language Processing, 23
(1):57-68, January 2015.
CODEN 7777 ISSN 2329-
9290.

Pan:2014:PSM

Chao Pan, Jingdong
Chen, and J. Benesty.
Performance study of the
MVDR beamformer as a
function of the source in-
cidence angle.  IEFE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 22(1):
67-79, January 2014. CO-
DEN 7777  ISSN 2329-
9290.

Pan:2015:TAD

Chao Pan, Jingdong
Chen, and J. Benesty.
Theoretical analysis of
differential ~ microphone
array beamforming and
an improved solution.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(11):2093-2105, Novem-
ber 2015. CODEN 7777
ISSN 2329-9290.

Pan:2016:ROR

Chao Pan, Jingdong
Chen, and Jacob Ben-
esty. Reduced-order ro-
bust superdirective beam-
forming with uniform lin-
ear microphone arrays.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 24

[PCB16b]

[PCLP14]

[PCW15]

115

(9):1548-1559, 7777 2016.
CODEN 7777 ISSN 2329-
9290.

Parthasarathy:2016:UAD

Srinivas ~ Parthasarathy,
Roddy Cowie, and Carlos
Busso. Using agreement
on direction of change
to build rank-based emo-
tion classifiers.  IFEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 24(11):
2108-2121, 7777 2016.
CODEN 777? ISSN 2329-
9290.

Primavera:2014:0S1I

A. Primavera, S. Cecchi,
Junfeng Li, and F. Pi-
azza. Objective and sub-
jective investigation on
a novel method for digi-
tal reverberator parame-
ters estimation. IFEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 22(2):
441-452, February 2014.
CODEN 7777 ISSN 2329-
9290.

Perez-Carrillo:2015:IAV

A. Perez-Carrillo and
M. M. Wanderley. In-
direct acquisition of vio-
lin instrumental controls
from audio signal with
hidden Markov models.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(5):932-940, May 2015.



REFERENCES

[PDS*16]

CODEN 7777 ISSN 2329-
9290.

Palangi:2016:DSE

Hamid Palangi, Li Deng,
Yelong Shen, Jianfeng
Gao, Xiaodong He, Jian-
shu Chen, Xinying Song,
and Rabab Ward. Deep
sentence embedding us-
ing long short-term mem-
ory networks: Analysis
and application to infor-
mation retrieval. IEFE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 24(4):
694-707, April 2016. CO-
DEN 7777  ISSN 2329-
9290.

Pessentheiner:2016:LCM

[PHK16]

[PHM™*16]

Hannes Pessentheiner,
Martin Hagmiiller, and
Gernot Kubin. Local-
ization and characteri-
zation of multiple har-
monic sources. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 24(8):
1348-1363, 7777  2016.
CODEN 7777 ISSN 2329-
9290.

Phan:2016:LRN

Huy Phan, Lars Her-
tel, Marco Maass, Ra-
doslaw Mazur, and Alfred
Mertins. Learning repre-
sentations for nonspeech
audio events through their
similarities to speech pat-
terns. IEEE/ACM Trans-

[PK15]

[PKA14]

[PM15]

116

actions on Audio, Speech,
and Language Processing,
24(4):807-822, April 2016.
CODEN 77?7? ISSN 2329-
9290.

Petkov:2015:SDR

P. N. Petkov and W. B.
Kleijn. Spectral dynam-
ics recovery for enhanced
speech intelligibility in
noise. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
23(2):327-338, February
2015. CODEN 77?7? ISSN
2329-9290.

Panagakis:2014:MGC

Y. Panagakis, C. L.
Kotropoulos, and G. R.
Arce. Music genre
classification via joint
sparse low-rank represen-
tation of audio features.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 22
(12):1905-1917, Decem-
ber 2014. CODEN 7777
ISSN 2329-9290.

Percybrooks:2015:NHB

W. S. Percybrooks and
E. Moore. A new HMM-
based voice conversion
methodology evaluated on
monolingual and cross-
lingual conversion tasks.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(12):2298-2310, Decem-



REFERENCES

[PMMM15]

[PSL*+16]

[PT14]

ber 2015. CODEN 7777
ISSN 2329-9290.

Phan:2015:RRF

H. Phan, M. Maas,
R. Mazur, and A. Mertins.
Random regression forests
for acoustic event detec-
tion and classification.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(1):20-31, January 2015.
CODEN 77?77 ISSN 2329-
9290.

Parada:2016:SCN

[QBTY16]

Pablo Peso Parada, DushyanffdMS16]

Sharma, Jose Lainez,
Daniel Barreda, Toon
van Waterschoot, and
Patrick A. Naylor. A

single-channel non-intrusive]

C50 estimator correlated
with speech recognition
performance. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 24(4):
719-732, April 2016. CO-
DEN 7777  ISSN 2329-
9290.

Percival:2014:STE

G. Percival and G. Tzane-
takis. Streamlined tempo
estimation based on au-
tocorrelation and cross-
correlation with pulses.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 22
(12):1765-1776, Decem-

[QTY16]

117

ber 2014. CODEN 7777
ISSN 2329-9290.

Qian:2016:VDC

Yanmin Qian, Mengxiao
Bi, Tian Tan, and Kai Yu.
Very deep convolutional
neural networks for noise
robust speech recogni-
tion. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
24(12):2263-2276, 7777
2016. CODEN 7777 ISSN
2329-9290.

Qian:2016:TPF

Xiaojun Qian, Helen
Meng, and Frank Soong.
A two-pass framework of
mispronunciation  detec-
tion and diagnosis for
computer-aided pronun-
ciation training. IFEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 24(6):
1020-1028, June 2016.
CODEN 7777 ISSN 2329-
9290.

Qian:2016:NNB

Yanmin Qian, Tian Tan,
and Dong Yu. Neu-
ral network based multi-
factor aware joint training
for robust speech recogni-
tion. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
24(12):2231-2240, 7777
2016. CODEN 7777 ISSN
2329-9290.



REFERENCES

[RARRI15]

[RBBG15]

[RBR16]

Rashwan:2015:DLF

M. A. A. Rashwan, A. A.
Al Sallab, H. M. Raafat,
and A. Rafea. Deep
learning framework with
confused sub-set resolu-
tion architecture for au-
tomatic Arabic diacritiza-
tion. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Process-
ing, 23(3):505-516, March
2015. CODEN 7?77?77 ISSN
2329-9290.

Ruhland:2015:RGS

M. Ruhland, J. Bitzer,
M. Brandt, and S. Goetze.
Reduction of Gaussian,
supergaussian, and impul-
sive noise by interpolation
of the binary mask resid-
ual. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
23(10):1680-1691, Octo-
ber 2015. CODEN 7777
ISSN 2329-9290.

Radmanesh:2016:LLO

Nasim Radmanesh, Ian S.
Burnett, and Bhaskar D.
Rao. A lasso-LS opti-
mization with a frequency
variable dictionary in a
multizone sound system.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 24
(3):583-593, March 2016.
CODEN 7777 ISSN 2329-
9290.

[RDP14]

[RG15a]

[RG15b]

[RHvdP+16]

118

Rafii:2014:CRB

Z. Rafii, Zhiyao Duan,
and B. Pardo. Com-
bining rhythm-based and
pitch-based methods for
background and melody
separation. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 22(12):1884—
1893, December 2014.
CODEN 7777 ISSN 2329-
9290.

Rakotomamonjy:2015:HGT

A. Rakotomamonjy and
G. Gasso. Histogram
of gradients of time—
frequency representations
for audio scene classifica-
tion. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
23(1):142-153,  January
2015. CODEN 77?7? ISSN
2329-9290.

Ranjan:2015:NLH

R. Ranjan and Woon-
Seng Gan. Natural lis-
tening over headphones
in augmented reality us-
ing adaptive filtering tech-
niques. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 23(11):1988—
2002, November 2015.
CODEN 777? ISSN 2329-
9290.

Rasumow:2016:RAS

E. Rasumow, M. Hansen,



REFERENCES

[RKL14]

[RKN14]

[RLK14]

S. van de Par, D. Puschel,
V. Mellert, S. Doclo, and
M. Blau. Regularization
approaches for synthesiz-
ing HRTF directivity pat-
terns. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
24(2):215-225, 7777 2016.
CODEN 7777 ISSN 2329-
9290.

Rashobh:2014:MEK

R. S. Rashobh, A. W. H.
Khong, and Di Liu. Mul-
tichannel equalization in
the KLT and frequency
domains with application
to speech dereverberation.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 22
(3):634-646, March 2014.
CODEN 7777 ISSN 2329-
9290.

Reddy:2014:USD

V. V. Reddy, A. W. H.
Khong, and Boon Poh
Ng. Unambiguous speech
DOA estimation under
spatial aliasing condi-
tions. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Process-
ing, 22(12):2133-2145,
December 2014. CODEN
7777 ISSN 2329-9290.

Rieser:2014:NLG

V. Rieser, O. Lemon, and
S. Keizer. Natural lan-
guage generation as in-
cremental planning under

[RLPK15]

[RMBK14]

[ROL*15]

119

uncertainty: Adaptive in-
formation presentation for
statistical dialogue sys-
tems. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
22(5):979-994, May 2014.
CODEN 7777 ISSN 2329-
9290.

Remes:2015:BCM

U. Remes, A. Ramirez
Lopez, K. Palomaki, and
M. Kurimo. Bounded
conditional mean imputa-
tion with observation un-
certainties and acoustic
model adaptation. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 23(7):
1198-1208, July 2015.
CODEN 7777 ISSN 2329-
9290.

Reindl:2014:MMI

K. Reindl, S. Meier,
H. Barfuss, and W. Keller-
mann. Minimum mutual
information-based lin-
early constrained broad-
band signal extraction.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 22
(6):1096-1108, June 2014.
CODEN 7777 ISSN 2329-
9290.

Rouvier:2015:ABV

M. Rouvier, S. Oger,
G. Linares, D. Matrouf,
B. Merialdo, and Y. Li.
Audio-based video genre



REFERENCES

[RRAM16]

[RV14]

[RVB14]

identification. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 23(6):
1031-1041, June 2015.
CODEN 777? ISSN 2329-
9290.

Raposo0:2016:UGS

Francisco Raposo, Ri-

[RWF16]

cardo Ribeiro, and David Mar-]

tins de Matos. Us-
ing generic summariza-
tion to improve music in-
formation retrieval tasks.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 24
(6):1119-1128, June 2016.
CODEN 77?77 ISSN 2329-
9290.

Raczynski:2014:GBM

S. A. Raczynski and
E. Vincent. Genre-based
music language model-
ing with latent hierar-
chical Pitman-yor pro-
cess allocation. IFEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 22(3):
672-681, March 2014.
CODEN 7777 ISSN 2329-
9290.

Ramo:2014:HPP

J. Ramo, V. Valimaki,
and B. Bank. High-
precision parallel graphic
equalizer. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 22(12):1894—

[SAA15]

[SAB16]

120

1904, December 2014.
CODEN 77?7? ISSN 2329-
9290.

Receveur:2016:TAS

Simon Receveur, Robin
Wei;, and Tim Fin-
gscheidt. Turbo auto-
matic speech recognition.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 24
(5):846-862, May 2016.
CODEN 7777 ISSN 2329-
9290.

Sarreshtedari:2015:WMD

S. Sarreshtedari, M. A.
Akhaee, and A. Abbas-
far. A  watermarking
method for digital speech
self-recovery. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 23(11):1917—
1925, November 2015.
CODEN 7777 ISSN 2329-
9290.

Saeidi:2016:FEU

R. Saeidi, P. Alku, and
T. Backstrom. Feature
extraction using power-
law adjusted linear pre-
diction with application
to speaker recognition un-
der severe vocal effort
mismatch.  IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 24(1):42-53,
January 2016. CODEN
7777 ISSN 2329-9290.



REFERENCES

[SAK16]

Stafylakis:2016:TDS

Themos Stafylakis, Md. Ja-]

hangir Alam, and Patrick
Kenny.  Text-dependent
speaker recognition with
random  digit  strings.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 24
(7):1194-1203, July 2016.
CODEN 77?77 ISSN 2329-
9290.

Samarasinghe:2014: WAL

[SAP14]

[SAPB15]

[SBD16]

P. Samarasinghe, T. Ab-
hayapala, and M. Po-
letti.  Wavefield analy-
sis over large areas us-
ing distributed higher or-
der microphones. IEFE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 22(3):
647-658, March 2014.
CODEN 77?77 ISSN 2329-
9290.

Samarasinghe:2015:EPR

P. Samarasinghe, T. Ab-
hayapala, M. Poletti, and
T. Betlehem. An efficient
parameterization of the
room transfer function.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(12):2217-2227, Decem-
ber 2015. CODEN 7777
ISSN 2329-9290.

Sigtia:2016:EEN

Siddharth Sigtia, Em-
manouil Benetos, and Si-

[SBVM16]

[SD164]

[SD16b)]

121

An end-to-
end neural network for
polyphonic piano music
transcription. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 24(5):
927-939, May 2016. CO-
DEN 77?77  ISSN 2329-
9290.

Szurley:2016:BNC

mon Dixon.

Joseph Szurley, Alexander
Bertrand, Bas Van Dijk,
and Marc Moonen. Bin-
aural noise cue preserva-
tion in a binaural noise
reduction system with a
remote microphone sig-
nal. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
24(5):952-966, May 2016.
CODEN 7777 ISSN 2329-
9290.

Schepker:2016:SPA

H. Schepker and S. Doclo.
A semidefinite program-
ming approach to min-
max estimation of the
common part of acoustic
feedback paths in hearing
aids. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
24(2):366-377, 7777 2016.
CODEN 7777 ISSN 2329-
9290.

Schepker:2016:LSE

Henning Schepker and Si-
mon Doclo. Least-squares
estimation of the common



REFERENCES

[SDDCC15]

[SEM+14]

[SF14]

pole-zero filter of acoustic
feedback paths in hearing
aids. IEFEE/ACM Trans-
actions on Audio, Speech,
and Language Process-
ing, 24(8):1334-1347, 7777
2016. CODEN 7777 ISSN
2329-9290.

Sarmiento:2015:CFB

A. Sarmiento, I. Duran-
Diaz, A. Cichocki, and
S. Cruces. A contrast
function based on general-
ized divergences for solv-
ing the permutation prob-
lem in convolved speech
mixtures. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 23(11):1713-
1726, November 2015.
CODEN 77?77 ISSN 2329-
9290.

Schmid:2014:VBI

D. Schmid, G. Enzner,
S. Malik, D. Kolossa,
and R. Martin. Varia-
tional Bayesian inference
for multichannel derever-
beration and noise reduc-
tion. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
22(8):1320-1335, August
2014. CODEN 7777 ISSN
2329-9290.

Santos:2014:USC

J. F. Santos and T. H.
Falk. Updating the
SRMR~-CI metric for im-
proved intelligibility pre-

[SFK15]

[SG14]

[SGA15]

122

diction for cochlear im-
plant users. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 22(12):2197-
2206, December 2014.
CODEN 77?7? ISSN 2329-
9290.

Shin:2015:PSE

Ho Seon Shin, T. Fin-
gscheidt, and Hong-Goo
Kang. A priori SNR es-
timation using air- and
bone-conduction  micro-
phones. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 23(11):2015—
2025, November 2015.
CODEN 777? ISSN 2329-
9290.

Schwartz:2014:STU

O. Schwartz and S. Gan-
not. Speaker tracking
using recursive EM al-
gorithms. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 22(2):392—
402, February 2014. CO-
DEN 7777  ISSN 2329-
9290.

Schroder:2015:STG

J. Schroder, S. Goetze,
and J. Anemuller. Spectro-]
temporal Gabor filterbank
features for acoustic event
detection.  IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 23(12):2198-



REFERENCES

[SGH15a]

[SGH15b]

[SGH16]

2208, December 2015.
CODEN 7777 ISSN 2329-
9290.

Schwartz:2015:0SD

B. Schwartz, S. Gannot,
and E. A. P. Habets. On-
line speech dereverbera-
tion using Kalman fil-
ter and EM algorithm.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(2):394-406, February
2015. CODEN 77?77 ISSN
2329-9290.

Schwartz:2015:MMS

O. Schwartz, S. Gan-
not, and E. A. P. Ha-
bets.  Multi-microphone
speech  dereverberation
and noise reduction us-
ing relative early trans-
fer functions. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 23(2):
240-251, February 2015.
CODEN 7777 ISSN 2329-
9290.

Schwartz:2016:EMA

Ofer Schwartz, Sharon
Gannot, and Emanuél
A. P. Habets. An

expectation-maximization
algorithm for multimicro-
phone speech dereverber-
ation and noise reduc-
tion with coherence ma-
trix estimation. IEFE/
ACM  Transactions on
Audio, Speech, and Lan-

[SGM+15]

[SH14a]

[SH14b)]

123

guage Processing, 24(9):
1495-1510, 7777 2016.
CODEN ?77? ISSN 2329-
9290.

Schasse:2015:TSF

A. Schasse, T. Gerkmann,
R. Martin, W. Sorgel,
T. Pilgrim, and H. Puder.
Two-stage filter-bank sys-
tem for improved single-
channel noise reduction
in hearing aids. IEFEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 23(2):
383-393, February 2015.
CODEN 7777 ISSN 2329-
9290.

Sadjadi:2014:BSW

S. O. Sadjadi and J. H. L.
Hansen. Blind spec-
tral weighting for ro-
bust speaker identifica-
tion under reverbera-
tion mismatch. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 22(5):
937-945, May 2014. CO-
DEN 77?77  ISSN 2329-
9290.

Schuldt:2014:DRE

C. Schuldt and P. Han-
del. Decay rate es-
timators and their per-
formance for blind re-
verberation time estima-
tion. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
22(8):1274-1284, August



REFERENCES

[SHD14]

[SHDG16]

[SK15]

[SK16a]

2014. CODEN 7777 ISSN
2329-9290.

Sarikaya:2014:ADB

R. Sarikaya, G. E. Hin-
ton, and A. Deoras. Ap-
plication of deep be-
lief networks for natural
language understanding.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 22
(4):778-784, April 2014.
CODEN 7777 ISSN 2329-
9290.

Shum:2016:UAU

Stephen H. Shum, David F ]
Harwath, Najim Dehak,
and James R. Glass. On
the use of acoustic unit
discovery for language
recognition. IFEE/ACM
Transactions on Audio,
Speech, and Language
Processing,  24(9):1665—
1676, 7777 2016. CODEN
7777 ISSN 2329-9290.

Schwarz:2015:CDP

A. Schwarz and W. Keller-
mann. Coherent-to-diffuse
power ratio estimation for
dereverberation. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 23(6):
1006-1018, June 2015.
CODEN 7777 ISSN 2329-
9290.

Schneider:2016:MAE

Martin  Schneider and
Walter Kellermann. Mul-

[SK16b]

[SKAK16]

[SKDN14]

124

tichannel acoustic echo
cancellation in the wave
domain with increased ro-
bustness to nonunique-
ness. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Process-
ing, 24(3):518-529, March
2016. CODEN ?777? ISSN
2329-9290.

Sharma:2016:TSS

A. Sharma and S. Kaul.

Two-stage supervised learning-|

based method to detect
screams and cries in ur-
ban environments. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 24(2):
290-299, 7777 2016. CO-
DEN 7777  ISSN 2329-
9290.

Stafylakis:2016:SCF

T. Stafylakis, P. Kenny,
M. J. Alam, and M. Kock-
mann. Speaker and
channel factors in text-
dependent speaker recog-
nition. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 24(1):65-78,
January 2016. CODEN
7777 ISSN 2329-9290.

Souden:2014:LFI

M. Souden, K. Ki-
noshita, M. Delcroix,
and T. Nakatani. Lo-
cation feature integra-
tion for clustering-based
speech separation in dis-



REFERENCES

[SKH*15a]

[SKH*15b)]

[SKK14]

tributed microphone ar-
rays. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
22(2):354-367, February
2014. CODEN 7777 ISSN
2329-9290.

Sugiura:2015:0CG

Y. Ka-
Harada,

R. Sugiura,
mamoto,  N.

[SKSD14]

H. Kameoka, and T. Moriya.|
Optimal coding of generalized-|

Gaussian-distributed fre-
quency spectra for low-
delay audio Coder with
powered all-pole spectrum
estimation. IFEE/ACM
Transactions on Audio,
Speech, and Language
Processing,  23(8):1309—
1321, August 2015. CO-
DEN 7777  ISSN 2329-
9290.

Sugiura:2015:RWS

Y. Ka-
Harada,

R. Sugiura,
mamoto,  N.

[SLC*15]

H. Kameoka, and T. Moriya.l

Resolution warped spec-
tral representation for
low-delay and low-bit-rate
audio Coder. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 23(2):
288-299, February 2015.
CODEN 7777 ISSN 2329-
9290.

Shen:2014:DPR

Mo Shen, D. Kawahara,
and S. Kurohashi. De-
pendency parse reranking

[SLGA15]

125

with rich subtree features.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 22
(7):1208-1218, July 2014.
CODEN 77?7? ISSN 2329-
9290.

Senoussaoui:2014:SCD

M. Senoussaoui, P. Kenny,
T. Stafylakis, and P. Du-
mouchel. A study of
the cosine distance-based
mean shift for telephone
speech diarization. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 22(1):
217227, January 2014.
CODEN 7777 ISSN 2329-
9290.

Shen:2015:LCD

Qing Shen, Wei Liu,
Wei Cui, Siliang Wu,
Y. D. Zhang, and M. G.
Amin. Low-complexity
direction-of-arrival  esti-
mation based on wide-
band co-prime arrays.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(9):1445-1456, September
2015. CODEN 7777 ISSN
2329-9290.

Shah:2015:NAE

P. Shah, I. Lewis, S. Grant,]
and S. Angrignon. Non-
linear acoustic echo can-
cellation using voltage and
current feedback. IFEE/
ACM  Transactions on



REFERENCES

[SLGyLaC15]

[SLGZ15]

[SLL*16]

Audio, Speech, and Lan-
guage Processing, 23(10):
1589-1599, October 2015.
CODEN 7777 ISSN 2329-
9290.

Lee:2015:SCR

Lin shan Lee, J. Glass,
Hung yi Lee, and Chun
an Chan. Spoken con-
tent retrieval — beyond
cascading speech recogni-
tion with text retrieval.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(9):1389-1420, September
2015. CODEN 7777 ISSN
2329-9290.

Sun:2015:SEU

Meng Sun, Yinan Li, J. F.
Gemmeke, and Xiongwei
Zhang. Speech enhance-
ment under low SNR con-
ditions via noise estima-
tion using sparse and low-
rank NMF with Kullback—
Leibler divergence. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 23(7):
1233-1242, July 2015.
CODEN 7777 ISSN 2329-
9290.

Shepstone:2016: TVM

Sven Ewan Shepstone,
Kong Aik Lee, Haizhou
Li, Zheng-Hua Tan, and
Sgren Holdt Jensen. Total
variability modeling us-
ing source-specific priors.
IEEE/ACM Transactions

126

on Audio, Speech, and
Language Processing, 24
(3):504-517, March 2016.
CODEN 77?7? ISSN 2329-
9290.

Souviraa-Labastie:2015:MCA

[SLOVB15]

[SLR16]

[SLW15]

N. Souviraa-Labastie, A. Oliv-]
ero, E. Vincent, and
F. Bimbot. Multi-channel
audio source separation
using multiple deformed
references. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 23(11):1775—
1787, November 2015.
CODEN 7777 ISSN 2329-
9290.

Swietojanski:2016:LHU

Pawel Swietojanski, Jinyu
Li, and Steve Renals.
Learning  hidden unit
contributions for unsu-
pervised acoustic model
adaptation. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing,  24(8):1450—
1463, 7777 2016. CODEN
7777 ISSN 2329-9290.

Su:2015:ACC

Rongfeng Su, Xunying
Liu, and Lan Wang. Auto-
matic complexity control
of generalized variable pa-
rameter HMMSs for noise
robust speech recogni-
tion. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
23(1):102-114,  January



REFERENCES

[SLY14]

[SM14]

[SMH14]

2015. CODEN 7777 ISSN
2329-9290.

Su:2014:SMM

Li Su, Hsin-Ming Lin, and
Yi-Hsuan Yang. Sparse
modeling of magnitude
and phase-derived spec-
tra for playing technique
classification. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 22(12):2122—
2132, December 2014.
CODEN 7777 ISSN 2329-
9290.

Schasse:2014:ESS

A. Schasse and R. Mar-
tin. Estimation of
subband speech correla-
tions for noise reduction
via MVDR processing.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 22
(9):1355-1365, September
2014. CODEN 7?77?77 ISSN
2329-9290.

Speed:2014:MVT

M. Speed, D. Murphy, and
D. Howard. Modeling the
vocal tract transfer func-
tion using a 3D digital
waveguide mesh. IEFE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 22(2):
453-464, February 2014.
CODEN 7777 ISSN 2329-
9290.

[SMVW14]

[SNS15]

[SOF15]

127

Serizel:2014:LRA

R. Serizel, M. Moo-
nen, B. Van Dijk, and
J. Wouters. Low-rank ap-
proximation based multi-
channel Wiener filter al-
gorithms for noise reduc-
tion with application in
cochlear implants. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 22(4):
785-799, April 2014. CO-
DEN 7777  ISSN 2329-
9290.

Sundermeyer:2015:FRL

M. Sundermeyer, H. Ney,
and R. Schluter. From
feedforward to recurrent
LSTM neural networks
for language modeling.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(3):517-529, March 2015.
CODEN 7777 ISSN 2329-
9290.

Saito:2015:CBS

S. Saito, K. Oishi, and
T. Furukawa. Convo-
lutive blind source sep-
aration using an itera-
tive least-squares algo-
rithm for non-orthogonal
approximate joint diago-
nalization. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 23(12):2434—
2448, December 2015.



REFERENCES

[SP15]

[SP16]

[SR14]

[SR16a]

CODEN 7777 ISSN 2329-
9290.

Strasser:2015:AFC

F. Strasser and H. Puder.
Adaptive feedback cancel-
lation for realistic hearing
aid applications. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage  Processing, 23
(12):2322-2333, Decem-
ber 2015. CODEN 7777
ISSN 2329-9290.

Sailor:2016:NUA

Hardik B. Sailor and He-
mant A. Patil. Novel
unsupervised auditory
filterbank learning us-
ing convolutional RBM
for speech recognition.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 24
(12):2341-2353, 7777 2016.]
CODEN 7777 ISSN 2329-
9290.

Shabtai:2014:GSA

[SR16b)

[SRH15]

N. R. Shabtai and B. Rafaely]

Generalized spherical ar-
ray beamforming for bin-
aural speech reproduc-
tion. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
22(1):238-247,  January
2014. CODEN 7777 ISSN
2329-9290.

Sahoo0:2016:NMG

Subhasmita Sahoo and
Aurobinda Routray. A

[SS16]

128

novel method of glottal
inverse filtering. IEFE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 24(7):
1230-1241, July 2016.
CODEN 7777 ISSN 2329-
9290.

Swietojanski:2016:DPU

Pawel Swietojanski and
Steve Renals. Differen-
tiable pooling for unsu-
pervised acoustic model
adaptation. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 24(10):1773—
1784, 7777 2016. CODEN
7777 ISSN 2329-9290.

Spa:2015:GIE

C. Spa, A. Rey, and
E. Hernandez. A GPU
implementation of an ex-
plicit compact FDTD
algorithm with a digi-
tal impedance filter for
room acoustics applica-
tions. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
23(8):1368-1380, August
2015. CODEN 77?7? ISSN
2329-9290.

Samarakoon:2016:FHL

Lahiru Samarakoon and
Khe Chai Sim. Factor-
ized hidden layer adapta-
tion for deep neural net-
work based acoustic mod-
eling. IEEE/ACM Trans-
actions on Audio, Speech,



REFERENCES

[SSKP16]

[SYWRK15)]

[SW16]

and Language Processing,
24(12):2241-2250, 7777
2016. CODEN 7777 ISSN
2329-9290.

Sigtia:2016:AES

Siddharth Sigtia, Adam M.]
Stark, Sacha Krstulovié,
and Mark D. Plumbley.
Automatic environmental
sound recognition: Per-
formance versus compu-
tational cost. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 24(11):
2096-2107, 7777  2016.
CODEN 7777 ISSN 2329-
9290.

Sheaffer:2015:BRF

J. Sheaffer, M. van Wal-
stijn, B. Rafaely, and
K. Kowalczyk. Binaural
reproduction of finite dif-
ference simulations using
spherical array processing.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(12):2125-2135, Decem-
ber 2015. CODEN 7777
ISSN 2329-9290.

Sonnleitner:2016:RQB

Reinhard Sonnleitner and
Gerhard Widmer. Ro-
bust quad-based audio
fingerprinting. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 24(3):
409-421, March 2016.

[SWZ16]

[SY15]

[SZVZ16]

129

CODEN 7777 ISSN 2329-
9290.

Su:2016:ETT

Ming-Hsiang Su, Chung-
Hsien Wu, and Yu-Ting
Zheng. Exploiting turn-
taking temporal evolution
for personality trait per-
ception in dyadic con-
versations. I[EEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 24(4):733-
744, April 2016. CODEN
7777 ISSN 2329-9290.

Su:2015:CST

Li Su and Yi-Hsuan Yang.
Combining spectral and
temporal representations
for multipitch estima-
tion of polyphonic mu-
sic. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
23(10):1600-1612, Octo-
ber 2015. CODEN 7777
ISSN 2329-9290.

Sun:2016:UNE

Meng Sun, Xiongwei
Zhang, H. Van Hamme,
and T. F. Zheng. Unseen
noise estimation using
separable deep auto en-
coder for speech enhance-
ment. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Process-
ing, 24(1):93-104, Jan-
uary 2016. CODEN 7777
ISSN 2329-9290.



REFERENCES

[TCY15]

[TD16]

[TE16]

[Ter16]

Tian:2015:DIU

Ye Tian, Zhe Chen, and
Fuliang Yin. Distributed
IMM-unscented Kalman
filter for speaker track-
ing in microphone array
networks. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 23(10):1637—
1647, October 2015. CO-
DEN 7777  ISSN 2329-
9290.

Tahon:2016:TSS

M. Tahon and L. Dev-
illers. Towards a small
set of robust acoustic fea-
tures for emotion recogni-
tion: Challenges. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 24(1):
1628, January 2016. CO-
DEN 7777  ISSN 2329-
9290.

Turan:2016:SFE

M. A. Tugtekin Turan
and E. Erzin. Source
and filter estimation for
throat-microphone speech
enhancement. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 24(2):
265-275, 7777 2016. CO-
DEN 7777  ISSN 2329-
9290.

Tervo:2016:SSD

Sakari Tervo. Single
snapshot detection and

[TG16]

[TH14]

[TH16]

130

estimation of reflections
from room impulse re-
sponses in the spherical
harmonic domain. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 24(12):
2466-2480, 7777  2016.
CODEN 7777 ISSN 2329-
9290.

Torres:2016:NEM

H. Torres and J. Gurlekian.]
Novel estimation method

for the superpositional in-

tonation model. IFEE/

ACM  Transactions on

Audio, Speech, and Lan-

guage Processing, 24(1):

151-160, January 2016.

CODEN 7777 ISSN 2329-

9290.

Taseska:2014:ISF

M. Taseska and E. A. P.
Habets. Informed spatial
filtering for sound extrac-
tion using distributed mi-
crophone arrays. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 22(7):
11951207, July 2014.
CODEN 7777 ISSN 2329-
9290.

Taseska:2016:SSF

Maja Taseska and Emanuél]
A. P. Habets. Spot-
forming:  Spatial filter-
ing with distributed ar-
rays for position-selective
sound acquisition. IFEE/
ACM  Transactions on



REFERENCES

[TICB16]

[TK14]

[TM14]

Audio, Speech, and Lan-
guage Processing, 24(7):
1291-1304, July 2016.
CODEN 7777 ISSN 2329-
9290.

Tavakoli:2016:FSE

Vincent Mohammad Tavakol{JM16]

Jesper Rindom Jensen,
Mads Graesbgll Chris-
tensen, and Jacob Ben-
esty. A framework for
speech enhancement with
ad hoc microphone arrays.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 24
(6):1038-1051, June 2016.
CODEN 7777 ISSN 2329-
9290.

Togami:2014:SOA

M. Togami and Y. KawaguchfMH 14]

Simultaneous  optimiza-
tion of acoustic echo re-
duction, speech derever-
beration, and noise reduc-
tion against mutual in-
terference.  IFEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 22(11):1612—
1623, November 2014.
CODEN 7777 ISSN 2329-
9290.

Taghia:2014:0IM

J. Taghia and R. Mar-
tin. Objective intelli-
gibility measures based
on mutual information
for speech subjected to

speech enhancement pro-
cessing. IEEE/ACM

[TOKS14]

131

Transactions on Audio,
Speech, and Language
Processing,  22(1):6-16,
January 2014. CODEN
7777 ISSN 2329-9290.

Taghia:2016:FDA

Jalal Taghia and Rainer
Martin. A frequency-
domain adaptive line en-
hancer with step-size con-
trol based on mutual in-
formation for harmonic
noise reduction. IFEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 24(6):
1140-1154, June 2016.
CODEN 7777 ISSN 2329-
9290.

Tsa0:2014:MBO

Yu Tsao, S. Matsuda,
C. Hori, H. Kashioka,
and Chin-Hui Lee. A
MAP-based online esti-
mation approach to en-
semble speaker and speak-
ing environment model-
ing. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
22(2):403-416, February
2014. CODEN 777? ISSN
2329-9290.

Tachibana:2014:HPS

H. Tachibana, N. Ono,

H. Kameoka, and S. Sagayama.|

Harmonic/percussive sound]

separation based on anisotropic]

smoothness of spectro-
grams. IEEE/ACM
Transactions on Audio,



REFERENCES

[TOS14]

[TP15]

[TP16]

Speech, and Language
Processing, 22(12):2059—
2073, December 2014.
CODEN 7777 ISSN 2329-
9290.

Tachibana:2014:SVE

H. Tachibana, N. Ono,
and S. Sagayama. Singing
voice enhancement in
monaural music signals
based on two-stage har-
monic/percussive  sound
separation  on  multi-
ple resolution spectro-
grams. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 22(1):228-
237, January 2014. CO-
DEN 7777  ISSN 2329-
9290.

Tervo:2015:DAE

S. Tervo and A. Poli-
tis. Direction of ar-
rival estimation of re-
flections from room im-
pulse responses using a
spherical microphone ar-
ray. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
23(10):1539-1551, Octo-
ber 2015. CODEN 7777
ISSN 2329-9290.

Torbati:2016:DHD

A. H. Harati Nejad Tor-
bati and J. Picone. A dou-
bly hierarchical Dirich-
let process hidden Markov
model with a non-ergodic
structure.  IFEE/ACM

[TQW™15]

[TQY16]

[TR14a]

132

Transactions on Audio,
Speech, and Language
Processing, 24(1):174-
184, January 2016. CO-
DEN 77?7  ISSN 2329-
9290.

Tang:2015:JSC

Duyu Tang, Bing Qin,
Furu Wei, Li Dong, Ting
Liu, and Ming Zhou.
A joint  segmentation
and classification frame-
work for sentence level
sentiment  classification.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(11):1750-1761, Novem-
ber 2015. CODEN 7777
ISSN 2329-9290.

Tan:2016:CAT

Tian Tan, Yanmin Qian,
and Kai Yu. Clus-
ter adaptive training for
deep neural network based
acoustic model. IFEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 24(3):
459-468, March 2016.
CODEN 7777 ISSN 2329-
9290.

Tomar:2014:FDM

V. S. Tomar and R. C.
Rose. A family of
discriminative  manifold
learning algorithms and
their application to speech
recognition. IEEE/ACM
Transactions on Audio,
Speech, and Language



REFERENCES

[TR14b]

[TR15]

[TS14]

Processing, 22(1):161-
171, January 2014. CO-
DEN 77?77  ISSN 2329-
9290.

Tourbabin:2014:TFO

[TS16]

V. Tourbabin and B. Rafaely.]

Theoretical framework for
the optimization of micro-
phone array configuration
for humanoid robot audi-
tion. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Process-
ing, 22(12):1803-1814,
December 2014. CODEN
7777 ISSN 2329-9290.

Tourbabin:2015:DAE

[TTB*16]

V. Tourbabin and B. Rafaely.]

Direction of arrival es-
timation using micro-
phone array processing for
moving humanoid robots.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(11):2046-2058, Novem-
ber 2015. CODEN 7777
ISSN 2329-9290.

Traa:2014:MSS

J. Traa and P. Smaragdis.
Multichannel source sepa-
ration and tracking with
RANSAC and directional
statistics. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 22(12):2233~
2243, December 2014.
CODEN 77?77 ISSN 2329-
9290.

[TTH14]

133

Tsai:2016:REM

T. J. Tsai and Andreas
Stolcke. Robust and ef-
ficient multiple alignment
of unsynchronized meet-
ing recordings. IFEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 24(5):
833-845, May 2016. CO-
DEN 7777  ISSN 2329-
9290.

Takamichi:2016:PMM

Shinnosuke  Takamichi,
Tomoki Toda, Alan W.
Black, @ Graham Neu-
big, Sakriani Sakti, and
Satoshi Nakamura. Post-
filters to modify the mod-
ulation spectrum for sta-
tistical parametric speech
synthesis. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 24(4):755-
767, April 2016. CODEN
7777 ISSN 2329-9290.

Thiergart:2014:IPS

O. Thiergart, M. Taseska,
and E. A. P. Habets. An
informed parametric spa-
tial filter based on in-
stantaneous direction-of-
arrival estimates. IFEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage  Processing, 22
(12):2182-2196, Decem-
ber 2014. CODEN 7777
ISSN 2329-9290.



REFERENCES

[TVJ15]

[TWSS16]

[TZA14]

Tran:2015:NUE

D. T. Tran, E. Vincent,
and D. Jouvet. Nonpara-
metric uncertainty esti-
mation and propagation
for noise robust ASR.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(11):1835-1846, Novem-
ber 2015. CODEN 7777
ISSN 2329-9290.

Traa:2016:RSL

Johannes Traa, David
Wingate, Noah D. Stein,
and Paris Smaragdis. Ro-
bust source localization
and enhancement with
a probabilistic steered
response power model.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 24
(3):493-503, March 2016.
CODEN 7777 ISSN 2329-
9290.

Talagala:2014:EMC

D. S. Talagala, Wen
Zhang, and T. D. Ab-
hayapala. Efficient multi-
channel adaptive room
compensation for spatial
soundfield reproduction
using a modal decomposi-
tion. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
22(10):1522-1532, Octo-
ber 2014. CODEN 7777
ISSN 2329-9290.

[TZZ*15a]

[TZZ15b)]

[VDM15]

134

Tong:2015:RTF

Renjie Tong, Yingyue

Zhou, Long Zhang, Guangzhaol

Bao, and Zhongfu Ye.
A robust time-frequency
decomposition model for
suppression of  mixed
Gaussian-impulse noise in
audio signals. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 23(1):
69-79, January 2015. CO-
DEN 7777  ISSN 2329-
9290.

Tu:2015:EDF

Mei Tu, Yu Zhou, and
Chengqing Zong. Explor-
ing diverse features for
statistical machine trans-
lation model pruning.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(11):1847-1857, Novem-
ber 2015. CODEN 7777
ISSN 2329-9290.

Vilkamo:2015:PRS

J. Vilkamo and S. Delikaris-]
Manias. Perceptual repro-
duction of spatial sound
using loudspeaker-signal-
domain parametrization.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(10):1660-1669, October
2015. CODEN 7777 ISSN
2329-9290.



REFERENCES

[VHK14]

[VM15]

[VML14]

[VMM14]

vanHengel:2014:CST

P. W. J. van Hengel
and J. D. Krijnders. A
comparison of spectro-
temporal representations
of audio signals. IEFE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 22(2):
303-313, February 2014.
CODEN 7777 ISSN 2329-
9290.

Vijayan:2015:APS

K. Vijayan and K. S. R.
Murty. Analysis of phase
spectrum of speech signals
using allpass modeling.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(12):2371-2383, Decem-
ber 2015. CODEN 7777
ISSN 2329-9290.

Vaizman:2014:CBA

Y. Vaizman, B. McFee,

[VMOL16]

[VS14]

and G. Lanckriet. Codebook-1

based audio feature repre-
sentation for music infor-
mation retrieval. IEFE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 22(10):
1483-1493, October 2014.
CODEN 77?77 ISSN 2329-
9290.

vanMourik:2014:EHO

J. van Mourik and D. Mur-]
phy. Explicit higher-order
FDTD schemes for 3D
room acoustic simulation.

[VIN15]

135

IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 22
(12):2003—2011, Decem-
ber 2014. CODEN 7777
ISSN 2329-9290.

Villalba:2016:BNM

Jesis Villalba,  Anto-
nio Miguel, Alfonso Or-
tega, and Eduardo Lleida.
Bayesian networks to
model the variability
of speaker verification
scores in adverse envi-
ronments.  IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 24(12):2327—
2340, 7777 2016. CODEN
7777 ISSN 2329-9290.

Venkitaraman:2014:BSP

A.  Venkitaraman and
C. S. Seelamantula. Bin-
aural signal processing
motivated generalized an-
alytic signal construction
and AM-FM demodula-
tion. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
22(6):1023-1036, June
2014. CODEN 77?7? ISSN
2329-9290.

VanSegbroeck:2015:RLI

M. Van Segbroeck, R. Travadi,]
and S. S. Narayanan.
Rapid language identifica-
tion. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Process-
ing, 23(7):1118-1129, July



REFERENCES

[VZC14]

[WAJL15]

[WAS14]

2015. CODEN 7777 ISSN
2329-9290.

Venturini:2014:SFF

A. Venturini, L. Zao, and
R. Coelho. On speech fea-
tures fusion, a-integration
Gaussian modeling and
multi-style training for
noise robust speaker clas-
sification. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 22(12):1951—
1964, December 2014.
CODEN 7777 ISSN 2329-
9290.

Wu:2015:JPD

Yuntao Wu, L. Amir, J. R.
Jensen, and Guisheng
Liao. Joint pitch and
DOA estimation using the
ESPRIT method. IEFEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 23(1):
32-45, January 2015. CO-
DEN 7777  ISSN 2329-
9290.

‘Wachowski:2014:DCN

N. Wachowski and M. R.
Azimi-Sadjadi. Detection
and classification of non-
stationary transient sig-
nals using sparse approx-
imations and Bayesian
networks. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 22(12):1750—
1764, December 2014.

[WAS16]

[WC16a]

[WC16b]

136

CODEN 7777 ISSN 2329-
9290.

Winter:2016:AMD

Fiete Winter, Jens Ahrens,|]
and Sascha Spors. On an-
alytic methods for 2.5-D
local sound field synthe-
sis using circular distribu-
tions of secondary sources.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 24
(5):914-926, May 2016.
CODEN 7777 ISSN 2329-
9290.

Wu:2016:DFF

Xiaoguang Wu and Huaweil]
Chen. Directivity fac-
tors of the first-order
steerable differential ar-
ray with microphone mis-
matches:  Deterministic
and worst-case analysis.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 24
(2):300-315, 7777 2016.
CODEN 7777 ISSN 2329-
9290.

Wu:2016:GAA

Yi-Chan Wu and Homer H.J
Chen. Generation of af-
fective accompaniment in
accordance with emotion
flow. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
24(12):2277-2287, 7777
2016. CODEN 7777 ISSN
2329-9290.



REFERENCES

[WCC+15]

[WCY15]

[WD16]

Wang:2015:SEV

Jia-Ching Wang, Yu-
Hao Chin, Bo-Wei Chen,
Chang-Hong Lin, and
Chung-Hsien Wu. Speech
emotion verification us-
ing emotion variance mod-
eling and discriminant

[WDD™16]

scale-frequency maps. IEEE/}

ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 23(10):
1552-1562, October 2015.
CODEN 7777 ISSN 2329-
9290.

Wang:2015:NHD

Lin Wang, Zhe Chen, and
Fuliang Yin. A novel
hierarchical = decomposi-
tion vector quantization
method for high-order
LPC parameters. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 23(1):
212-221, January 2015.
CODEN 7777 ISSN 2329-
9290.

Wang:2016:CMB

Lin Wang and Simon Do-

[WED16]

clo. Correlation maximization-i

based sampling rate off-
set estimation for dis-
tributed microphone ar-
rays. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Process-
ing, 24(3):571-582, March
2016. CODEN ?77?7? ISSN
2329-9290.

[WGD15]

137

Wu:2016:AST

Zhizheng Wu, Phillip L.
De Leon, Cenk Demiroglu,
Ali  Khodabakhsh, Si-
mon King, Zhen-Hua
Ling, Daisuke  Saito,
Bryan Stewart, Tomoki
Toda, Mirjam Wester,
and Junichi Yamagishi.
Anti-spoofing for text-
independent speaker ver-
ification: An initial
database, comparison of
countermeasures, and hu-
man performance. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 24(4):
768-783, April 2016. CO-
DEN 7777  ISSN 2329-
9290.

Wang:2016:REJ

Siying  Wang,  Sebas-
tian Ewert, and Simon
Dixon. Robust and ef-
ficient joint alignment
of multiple musical per-
formances. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 24(11):2132—
2145, 7777 2016. CODEN
7777 ISSN 2329-9290.

Wang:2015:NPS

Lin Wang, T. Gerkmann,
and S. Doclo. Noise power
spectral density estima-
tion using MaxNSR block-
ing matrix. IEEE/ACM
Transactions on Audio,
Speech, and Language



REFERENCES

[WHLG14]

[WHRC16]

[WJ15a]

Processing,  23(9):1493—
1508, September 2015.
CODEN ?777? ISSN 2329-
9290.

‘Wu:2014:SSS

Chung-Hsien Wu, Yi-
Chin Huang, Chung-Han
Lee, and Jun-Cheng Guo.
Synthesis of spontaneous
speech with syllable con-
traction using state-based
context-dependent  voice
transformation.  IEFE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 22(3):
585595, March 2014.
CODEN 7777 ISSN 2329-
9290.

Wang:2016:IAS

Lin Wang, Tsz-Kin Hon,
Joshua D. Reiss, and An-
drea Cavallaro. An iter-
ative approach to source
counting and localization
using two distant mi-
crophones. IFEE/ACM
Transactions on Audio,
Speech, and Language
Processing,  24(6):1079—
1093, June 2016. CODEN
7777 ISSN 2329-9290.

Wang:2015:1QS

Chung-Che Wang and
J-S. R. Jang. Im-
proving query-by-singing/
humming by combining
melody and lyric informa-
tion. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,

[WJ15b)

[WK16]

[WLL*15a]

138

23(4):798-806, April 2015.
CODEN ?77? ISSN 2329-
9290.

Weng:2015:DTU

Chao Weng and B.-
H. F. Juang. Discrimi-
native training using non-
uniform criteria for key-
word spotting on spon-
taneous speech. IFEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 23(2):
300-312, February 2015.
CODEN 777? ISSN 2329-
9290.

Wu:2016:ITM

Zhizheng Wu and Simon
King. Improving trajec-
tory modelling for DNN-
based speech synthesis by
using stacked bottleneck
features and minimum
generation error training.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 24
(7):1255-1265, July 2016.
CODEN 777? ISSN 2329-
9290.

Wang:2015:ASM

Haipeng Wang, Tan Lee,
Cheung-Chi Leung, Bin
Ma, and Haizhou Li.
Acoustic segment mod-
eling with spectral clus-
tering methods. IEFEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 23(2):
264277, February 2015.



REFERENCES

[WLL15b]

[WLL*16]

[WNW14]

CODEN 7777 ISSN 2329-
9290.

Wu:2015:PFR

Ji Wu, Miao Li, and Chin-
Hui Lee. A probabilis-
tic framework for rep-
resenting dialog systems
and entropy-based dia-
log management through
dynamic stochastic state
evolution. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 23(11):2026—
2035, November 2015.
CODEN 7777 ISSN 2329-
9290.

Wang:2016:CSB

Jia-Ching Wang, Yuan-
Shan Lee, Chang-Hong
Lin, Shu-Fan Wang, Chih-
Hao Shih, and Chung-

Hsien Wu. Compressive
sensing-based speech en-
hancement. IFEE/ACM

Transactions on Audio,
Speech, and Language
Processing, 24(11):2122—
2131, 7777 2016. CODEN
7777 ISSN 2329-9290.

Wang:2014: TTS

[WRC16]

[WS14]

[WSH15]

Yuxuan Wang, A. Narayanan,|]

and Deliang Wang. On
training targets for super-
vised speech separation.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 22
(12):1849-1858, Decem-
ber 2014. CODEN 7777
ISSN 2329-9290.

139

Wang:2016:DSS

Lin Wang, Joshua D.
Reiss, and Andrea Cav-
allaro.  Over-determined
source separation and
localization using  dis-
tributed microphones.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 24
(9):1573-1588, 777? 2016.
CODEN 7777 ISSN 2329-
9290.

Wang:2014:RBC

Guangsen Wang and
Khe Chai Sim. Regression-]
based context-dependent
modeling of deep neu-
ral networks for speech
recognition. I[EFE/ACM
Transactions on Audio,
Speech, and Language
Processing, 22(11):1660-
1669, November 2014.
CODEN 777? ISSN 2329-
9290.

‘Wu:2015:CSE

Chung-Hsien Wu, Han-
Ping Shen, and Chun-
Shan Hsu. Code-switching
event detection by using
a latent language space
model and the delta-
Bayesian information cri-
terion. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 23(11):1892—
1903, November 2015.
CODEN 777? ISSN 2329-
9290.



REFERENCES

[WsL15]

[WSY14]

[WTHJ14]

Wang:2015:SDU

Yow-Bang Wang and Lin
shan Lee. Supervised
detection and unsuper-
vised discovery of pro-
nunciation error patterns
for computer-assisted lan-
guage learning. [EFE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 23(3):
564-579, March 2015.
CODEN 7777 ISSN 2329-
9290.

Wu:2014:CEP

Chung-Hsien Wu, Han-
Ping Shen, and Yan-Ting
Yang. Chinese-English
phone set construction for
code-switching ASR us-
ing acoustic and DNN-
extracted articulatory fea-
tures. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
22(4):858-862, April 2014.
CODEN 7777 ISSN 2329-
9290.

Weng:2014:LSR

Chao Weng, D. L. Thom-
son, P. Haffner, and B.-
H. F. Juang. Latent
semantic rational ker-
nels for topic spotting
on conversational speech.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 22
(12):1738-1749, Decem-
ber 2014. CODEN 7777
ISSN 2329-9290.

[WVCL14]

[WW15]

[WW16]

[WWD14]

140

Wu:2014:EBS

Zhizheng Wu, T. Virta-
nen, Eng Siong Chng, and
Haizhou Li. Exemplar-
based sparse representa-
tion with residual com-
pensation for voice con-
version. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 22(10):1506—
1521, October 2014. CO-
DEN 7777  ISSN 2329-
9290.

Wei:2015:DLC

Ying Wei and Yinfeng
Wang. Design of low
complexity adjustable fil-
ter bank for personal-
ized hearing aid solutions.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(5):923-931, May 2015.
CODEN 7777 ISSN 2329-
9290.

Wang:2016:JTF

Zhong-Qiu  Wang and
DeLiang Wang. A joint
training framework for
robust automatic speech
recognition. I[EFE/ACM
Transactions on Audio,
Speech, and Language
Processing, 24(4):796—-
806, April 2016. CODEN
7777 ISSN 2329-9290.

Wang:2014:ISC

Qi Wang, W. L. Woo,
and S. S. Dlay. Informed



REFERENCES

[WWLL14]

[WWW16]

[WYH*15]

single-channel speech sep-
aration using HMM-
GMM user-generated ex-
emplar source. IEFE/
ACM  Transactions on
Audio, Speech, and Lan-
guage  Processing, 22
(12):2087-2100, Decem-
ber 2014. CODEN 7777
ISSN 2329-9290.

Wei:2014:EPF

Wen-Li Wei, Chung-Hsien
Wu, Jen-Chun Lin, and
Han Li. Exploiting psy-
chological factors for in-
teraction style recognition
in spoken conversation.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 22
(3):659-671, March 2014.
CODEN 7777 ISSN 2329-
9290.

Williamson:2016:CRM

Donald S. Williamson,

Yuxuan Wang, and DeLiang]

Wang. Complex ra-
tio masking for monau-
ral speech separation.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 24
(3):483-492, March 2016.
CODEN 7777 ISSN 2329-
9290.

Wang:2015:SBT

Xun Wang, Y. Yoshida,
T. Hirao, M. Nagata,
and K. Sudoh. Summa-
rization based on task-
oriented discourse pars-

[WYLZ16]

[WYSD15]

[WZL+15]

141

ing. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
23(8):1358-1367, August
2015. CODEN 77?7? ISSN
2329-9290.

Wang:2016:CBW

Jin Wang, Liang-Chih Yu,
K. Robert Lai, and Xuejie
Zhang. Community-based
weighted graph model for
valence-arousal prediction
of affective words. IFEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 24(11):
1957-1968, 7777  2016.
CODEN 7777 ISSN 2329-
9290.

Weng:2015:DNN

Chao Weng, Dong Yu,

M. L. Seltzer, and J. Droppo.l

Deep neural networks
for single-channel multi-
talker speech recognition.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(10):1670-1679, October
2015. CODEN 77?7? ISSN
2329-9290.

Wang:2015:BCS

Rui Wang, Hai Zhao, Bao-
Liang Lu, M. Utiyama,
and E. Sumita. Bilin-
gual continuous-space lan-

guage model growing
for statistical machine
translation. IEEE/ACM

Transactions on Audio,
Speech, and Language



REFERENCES

[WZS14]

[XAHJ*+14]

[XDDL15]

Processing,  23(7):1209-
1220, July 2015. CODEN
7777 ISSN 2329-9290.

Wu:2014:TCS

Dalei Wu, Wei-Ping Zhu,
and M. N. S. Swamy.
The theory of compressive
sensing matching pursuit
considering time-domain
noise with application
to speech enhancement.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 22
(3):682-696, March 2014.
CODEN 7777 ISSN 2329-
9290.

Xue:2014:FAD

Shaofei Xue, O. Abdel-
Hamid, Hui Jiang, Lirong
Dai, and Qingfeng Liu.
Fast adaptation of deep
neural network based
on discriminant codes
for speech recognition.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 22
(12):1713-1725, Decem-
ber 2014. CODEN 7777
ISSN 2329-9290.

Xu:2015:RAS

Yong Xu, Jun Du, Li-
Rong Dai, and Chin-Hui
Lee. A regression ap-
proach to speech enhance-
ment based on deep neu-
ral networks. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 23(1):7-

[XNG+14]

[XNRG15]

[XO16]

142

19, January 2015. CO-
DEN 7777  ISSN 2329-
9290.

Xiang:2014:PBA

Yong Xiang, I. Natgu-
nanathan, Song Guo,
Wanlei Zhou, and S. Na-
havandi. Patchwork-
based audio watermark-
ing method robust to de-
synchronization attacks.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 22
(9):1413-1423, September
2014. CODEN ?77?7? ISSN
2329-9290.

Xiang:2015:SSB

Yong Xiang, 1. Natgu-
nanathan, Yue Rong,
and Song Guo. Spread

spectrum-based high em-
bedding capacity water-
marking method for au-
dio signals. IEFE/ACM
Transactions on Audio,
Speech, and Language
Processing, 23(12):2228-
2237, December 2015.
CODEN 7777 ISSN 2329-
9290.

Xu:2016:SDA

Haotian Xu and Zhijian
Ou.  Scalable discovery
of audio fingerprint motifs
in broadcast streams with
determinantal point pro-
cess based motif cluster-
ing. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,



REFERENCES

[XWZ16]

[XYH14]

[XZW15]

24(5):978-989, May 2016.
CODEN ???? ISSN 2329-
9290.

Xia0:2016:LAA

Tong Xiao, Derek F.
Wong, and Jingbo Zhu.
A loss-augmented  ap-
proach to training syn-
tactic machine transla-
tion systems. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 24(11):
2069-2083, 7777  2016.
CODEN 7777 ISSN 2329-
9290.

Xu:2014:UAA

Jian Xu, Zhi-Jie Yan,
and Qiang Huo. An
unsupervised adaptation
approach to leveraging
feedback loop data by
using i-vector for data
clustering and selection.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 22
(11):1581-1589, Novem-
ber 2014. CODEN 7777
ISSN 2329-9290.

Xiong:2015:TBC

Deyi Xiong, Min Zhang,
and Xing Wang. Topic-
based coherence model-
ing for statistical ma-
chine translation. IEFE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 23(3):
483493, March 2015.

[YB14]

[YBC*14]

[YGV14]

143

CODEN 7777 ISSN 2329-
9290.

Yella:2014:0SD

S. H. Yella and H. Bourlard.]
Overlapping speech de-
tection using long-term
conversational  features
for speaker diarization in
meeting room conversa-
tions. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Process-
ing, 22(12):1688-1700,
December 2014. CODEN
7777 ISSN 2329-9290.

Yang:2014:BNR

Na Yang, He Ba, Weiyang
Cai, I. Demirkol, and
W. Heinzelman. BaNa:
A noise resilient funda-
mental frequency detec-
tion algorithm for speech
and music. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 22(12):1833—
1848, December 2014.
CODEN 777? ISSN 2329-
9290.

Yilmaz:2014:NRE

E. Yilmaz, J. F. Gem-
meke, and H. Van hamme.
Noise robust exemplar
matching using sparse
representations of speech.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 22
(8):1306-1319, August
2014. CODEN 7777 ISSN
2329-9290.



REFERENCES

[YK14]

[YLD15]

[YLJ16]

Yang:2014:0SD

Jae-Mo Yang and Hong-
Goo Kang. Online speech
dereverberation algorithm
based on adaptive multi-
channel linear prediction.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 22
(3):608-619, March 2014.
CODEN 7777 ISSN 2329-
9290.

Yang:2015:PEU

Guang Yang, R. F. Lyon,
and E. M. Drakakis. Psy-
chophysical evaluation of
an ultra-low power, ana-
log biomimetic cochlear
implant processor filter-
bank architecture with
across channels AGC.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(12):2465-2473, Decem-
ber 2015. CODEN 7777
ISSN 2329-9290.

Yang:2016:SAS

Cheng-Yen Yang, Chih-
Wei Liu, and Shyh-Jye
Jou. A systematic ANSI
S1.11 filter bank specifica-
tion relaxation and its ef-
ficient multirate architec-
ture for hearing-aid sys-
tems. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Process-
ing, 24(8):1380-1392, 7777
2016. CODEN ?77?7? ISSN
2329-9290.

[YLL15]

[yLsL14]

[yLSY™*14]

144

Yeung:2015:SSM

Yu Ting Yeung, Tan
Lee, and Cheung-Chi Le-
ung. Supervised single-
microphone multi-talker
speech separation with
conditional random fields.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(12):2334-2342, Decem-
ber 2015. CODEN 7777
ISSN 2329-9290.

Lee:2014:ISR

Hung yi Lee and Lin shan
Lee. Improved semantic
retrieval of spoken con-
tent by document/query
expansion with random
walk over acoustic sim-
ilarity graphs. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 22(1):
80-94, January 2014. CO-
DEN 7777  ISSN 2329-
9290.

Lee:2014:SKO

Hung yi Lee, Sz-Rung
Shiang, Ching-Feng Yeh,
Yun-Nung Chen, Yu Huang|
Sheng-Yi Kong, and Lin
shan Lee. Spoken knowl-
edge organization by se-
mantic structuring and
a prototype course lec-
ture system for person-
alized learning. IFEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 22(5):



REFERENCES

[YLY15]

[YND14]

[YSCZ15]

883-898, May 2014. CO-
DEN 7777  ISSN 2329-
9290.

Yo0:2015:FBR

In-Chul Yoo, Hyeon-
tack Lim, and Dongsuk
Yook. Formant-based ro-
bust voice activity detec-
tion. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Process-
ing, 23(12):2238-2245,
December 2015. CODEN
7777 ISSN 2329-9290.

Yong:2014:EBM

Pei Chee Yong, S. Nord-
holm, and Hai Huyen
Dam. Effective binaural
multi-channel processing
algorithm for improved
environmental presence.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 22
(12):2012-2024, Decem-
ber 2014. CODEN 7777
ISSN 2329-9290.

Yu:2015:CMB

Kai Yu, Kai Sun, Lu Chen,]]
and Su Zhu. Con-
strained Markov Bayesian
polynomial for efficient
dialogue state tracking.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(12):2177-2188, Decem-
ber 2015. CODEN 7777
ISSN 2329-9290.

[YsL15]

[YW14]

[ZA14]

145

Yeh:2015:IFR

Ching-Feng Yeh and Lin
shan Lee. An improved
framework for recognizing
highly imbalanced bilin-
gual code-switched lec-
tures with cross-language
acoustic modeling and
frame-level language iden-
tification. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing,  23(7):1144—
1159, July 2015. CODEN
7777 ISSN 2329-9290.

Yan:2014:SLS

Su Yan and Xiaojun Wan.
SRRank: Leveraging se-
mantic roles for extrac-
tive multi-document sum-
marization. I[EEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 22(12):2048—
2058, December 2014.
CODEN 7777 ISSN 2329-
9290.

Zhang:2014:TDS

Wen Zhang and T. D.
Abhayapala.  Three di-
mensional sound field re-
production using multiple
circular loudspeaker ar-
rays: Functional analysis
guided approach. IFEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 22(7):
1184-1194, July 2014.
CODEN 7777 ISSN 2329-
9290.



REFERENCES

[ZB14]

[ZBC14]

[ZCDS15]

[ZCF14]

Zitouni:2014:APC

I. Zitouni and Y. Be-
najiba. Aligned-parallel-

corpora based semi-supervised]

learning for Arabic men-
tion detection. IEFE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 22(2):
314-324, February 2014.
CODEN 77?7?7 ISSN 2329-
9290.

Zhao:2014:DRD

Liheng Zhao, J. Benesty,
and Jingdong Chen. De-
sign of robust differen-
tial microphone arrays.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 22
(10):1455-1466, October
2014. CODEN 7777 ISSN
2329-9290.

Zhang:2015:CLA

Zixing Zhang, E. Coutinho,]
Jun Deng, and B. Schuller.]
Cooperative learning and
its application to emo-
tion  recognition from
speech. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 23(1):115-
126, January 2015. CO-
DEN 7777  ISSN 2329-
9290.

Zao:2014:SEE

L. Zao, R. Coelho, and
P. Flandrin. Speech en-
hancement with EMD and

[ZCY16]

[ZDC14]

[ZDG14]

146

Hurst-based mode selec-
tion. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
22(5):899-911, May 2014.
CODEN 77?7? ISSN 2329-
9290.

Zhang:2016:DMA

Qiaoling Zhang, Zhe
Chen, and Fuliang Yin.
Distributed marginalized
auxiliary particle filter
for speaker tracking in
distributed = microphone
networks. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 24(11):1921—
1934, 7777 2016. CODEN
7777 ISSN 2329-9290.

Zhang:2014:BCC

Min Zhang, Xiangyu
Duan, and Wenliang
Chen. Bayesian con-
stituent context model
for grammar induction.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 22
(2):531-541, February
2014. CODEN ?777? ISSN
2329-9290.

Zapata:2014:MFB

J. R. Zapata, M. E. P.
Davies, and E. Gomez.
Multi-feature beat track-
ing. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
22(4):816-825, April 2014.



REFERENCES

[ZF14]

[ZG16]

[ZH14]

CODEN 7777 ISSN 2329-
9290.

Zhang:2014:DTS

Weibin Zhang and P. Fung.]
Discriminatively trained
sparse inverse covari-
ance matrices for speech
recognition. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 22(5):873—
882, May 2014. CODEN
7777 ISSN 2329-9290.

Zhang:2016:FFE

Geliang Zhang and Si-
mon Godsill. Funda-
mental frequency estima-
tion in speech signals with
variable rate particle fil-
ters. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
24(5):890-900, May 2016.
CODEN 7777 ISSN 2329-
9290.

Zeng:2014:DDS

Yuan Zeng and R. C.
Hendriks. Distributed
delay and sum beam-
former for speech en-
hancement via random-
ized gossip. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 22(1):
260-273, January 2014.
CODEN 7777 ISSN 2329-
9290.

[ZH15]

[Ziv15]

[ZJD+15]

147

Zhong:2015:TFM

Xijonghu Zhong and J. R.
Hopgood. A Time-
Frequency masking based
random finite set parti-
cle filtering method for
multiple acoustic source
detection and tracking.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(12):2356-2370, Decem-
ber 2015. CODEN 7777
ISSN 2329-9290.

Zivanovic:2015:HBC

M. Zivanovié. Har-
monic bandwidth com-
panding for separation of
overlapping harmonics in
pitched signals. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 23(5):
898-908, May 2015. CO-
DEN 7777  ISSN 2329-
9290.

Zhou:2015:SCB

Pan Zhou, Hui Jiang, Li-
Rong Dai, Yu Hu, and
Qing-Feng Liu. State-
clustering based mul-
tiple deep neural net-
works modeling approach
for speech recognition.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(4):631-642, April 2015.
CODEN 777? ISSN 2329-
9290.



REFERENCES

[ZKA15]

[ZLLS16]

[ZN14]

Zhang:2015:EDF

Mengqiu Zhang, R. A.
Kennedy, and T. D.
Abhayapala. Empiri-
cal determination of fre-
quency representation in
spherical harmonics-based
HRTF functional model-
ing. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
23(2):351-360, February
2015. CODEN 7777 ISSN
2329-9290.

Zhang:2016:LRF

Meng Zhang, Yang Liu,

Huanbo Luan, and Maosongl

Sun. Listwise rank-
ing functions for statisti-
cal machine translation.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 24
(8):1464-1472, 7777 2016.
CODEN 7777 ISSN 2329-
9290.

Zakharov:2014:SWR

Y. Zakharov and V. H.
Nascimento. Sliding-
window RLS low-cost im-
plementation of propor-
tionate affine projection
algorithms. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 22(12):1815—
1824, December 2014.
CODEN 77?77 ISSN 2329-
9290.

[ZP15]

[ZPP15]

[ZSIA16]

148

Zahoransky:2015:TSS

D. Zahoransky and I. Po-
lasek. Text search of
surnames in some Slavic
and other morphologi-
cally rich languages us-
ing rule based phonetic
algorithms. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 23(3):553—
563, March 2015. CODEN
7777 ISSN 2329-9290.

Zohrer:2015:RLS

M. Zohrer, R. Peharz, and
F. Pernkopf. Represen-
tation learning for single-
channel source separation
and bandwidth extension.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(12):2398-2409, Decem-
ber 2015. CODEN 7777
ISSN 2329-9290.

Zorila:2016:NFF

Tudor-Catalin Zorild, Yan-]
nis Stylianou, Tatsuma
Ishihara, and Masami
Akamine. Near and far
field speech-in-noise in-
telligibility improvements
based on a time—frequency
energy reallocation ap-
proach. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 24(10):1808—
1818, 7777 2016. CODEN
7777 ISSN 2329-9290.



REFERENCES

[ZW164a)

[ZW16b)]

[ZWCT15]

[ZWW14]

Zhang:2016:BCI

Xiao-Lei Zhang and DeLiang]

Wang. Boosting con-
textual information for
deep neural network based
voice activity detection.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 24
(2):252-264, 7777 2016.
CODEN 77?77 ISSN 2329-
9290.

Zhang:2016:DEL

[ZWW15]

Xiao-Lei Zhang and DeLiang]

Wang. A deep ensem-
ble learning method for
monaural speech separa-
tion. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
24(5):967-977, May 2016.
CODEN 7777 ISSN 2329-
9290.

Zeng:2015:GBL

Xijaodong Zeng, D. F.
Wong, L. S. Chao, and
I. Trancoso. Graph-based
lexicon regularization for
PCFG with latent annota-
tions. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Process-
ing, 23(3):441-450, March
2015. CODEN 7?77?77 ISSN
2329-9290.

Zhao:2014:RSI

Xiaojia Zhao, Yuxuan
Wang, and Deliang Wang.
Robust speaker identifica-
tion in noisy and rever-

[ZWX15]

[ZXH*16]

149

berant conditions. IEEE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 22(4):
836845, April 2014. CO-
DEN 7777 ISSN 2329-
9290.

Zhao:2015:CSI

Xiaojia Zhao, Yuxuan
Wang, and Deliang Wang.
Cochannel speaker identi-
fication in anechoic and
reverberant  conditions.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(11):1727-1736, Novem-
ber 2015. CODEN 7777
ISSN 2329-9290.

Zhou:2015:COT

Xinjie Zhou, Xiaojun
Wan, and Jianguo Xiao.
CLOpinionMiner: Opin-
ion target extraction in
a cross-language scenario.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 23
(4):619-630, April 2015.
CODEN 7777 ISSN 2329-
9290.

Zhou:2016:LMT

Guangyou Zhou, Zhiwen
Xie, Tingting He, Jun
Zhao, and Xiaohua Tony
Hu. Learning the mul-
tilingual translation rep-
resentations for question
retrieval in community
question answering via
non-negative matrix fac-



REFERENCES

[ZYG+14]

[ZZH16]

[ZZN+16]

torization.  IFEE/ACM
Transactions on Audio,
Speech, and Language
Processing,  24(7):1305—
1314, July 2016. CODEN
7777 ISSN 2329-9290.

Zhao:2014:MPA

Haiquan Zhao, Yi Yu,
Shibin Gao, Xiangping
Zeng, and Zhengyou He.
Memory proportionate
APA with individual acti-
vation factors for acoustic
echo cancellation. TEFE/
ACM  Transactions on
Audio, Speech, and Lan-
guage Processing, 22(6):
1047-1055, June 2014.
CODEN 7777 ISSN 2329-
9290.

Zhang:2016:RVS

Sheng Zhang, Jiashu
Zhang, and Hongyu Han.
Robust variable step-size
decorrelation normalized
least-mean-square  algo-
rithm and its application
to acoustic echo cancella-
tion. IEEE/ACM Trans-
actions on Audio, Speech,
and Language Processing,
24(12):2368-2376, 7777
2016. CODEN 7777 ISSN
2329-9290.

Zhang:2016:PAU

Xueliang Zhang, Hui

Zhang, Shuai Nie, Guanglail

Gao, and Wenju Liu. A
pairwise algorithm using
the deep stacking net-
work for speech separa-

[22.2.16]

150

tion and pitch estimation.
IEEE/ACM Transactions
on Audio, Speech, and
Language Processing, 24
(6):1066-1078, June 2016.
CODEN 7777 ISSN 2329-
9290.

Zhang:2016:ACL

Jiajun Zhang, Yu Zhou,
and Chengqing Zong. Ab-
stractive  cross-language
summarization via trans-
lation model enhanced
predicate argument struc-
ture fusing. IEEE/ACM
Transactions on Audio,
Speech, and Language
Processing, 24(10):1842—
1853, 7777 2016. CODEN
7777 ISSN 2329-9290.



